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Abstract—his work proposes an iterative channel estimation,
detection and decoding (ICEDD) scheme for the uplink of multi-
user multi-antenna systems assisted by multiple reconfigurable
intelligent surfaces (RIS)his work proposes an iterative channel
estimation, detection and decoding (ICEDD) scheme for the
uplink of multi-user multi-antenna systems assisted by multiple
reconfigurable intelligent surfaces (RIS)T. A novel iterative code-
aided channel estimation (ICCE) technique is developed that uses
low-density parity-check (LDPC) codes and iterative processing
to enhance estimation accuracy while reducing pilot overhead.
The core idea is to exploit encoded pilots (EP), enabling the
use of both pilot and parity bits to iteratively refine channel
estimates. To further improve performance, an iterative channel
tracking (ICT) method is proposed that takes advantage of the
temporal correlation of the channel. An analytical evaluation of
the proposed estimator is provided in terms of normalized mean-
squared error (NMSE), along with a study of its computational
complexity and the impact of the code rate. Numerical results
validate the performance of the proposed scheme in a sub-6 GHz
multi-RIS scenario with non-sparse propagation, under both LOS
and NLOS conditions, and different RIS architectures.

Index Terms—Reconfigurable intelligent surfaces, channel es-
timation, multiple-antenna systems, iterative detection and de-
coding, channel tracking.

I. INTRODUCTION

Reconfigurable Intelligent Surfaces (RIS) have attracted
considerable attention as a transformative technology for sixth-
generation (6G) wireless communication networks. In order to
further enhance the performance of RIS, several extensions
of the original passive RIS architecture (P-RIS) [1] have
been proposed, including Active RIS [2], Beyond Diagonal
(BD) RIS [3], Stacked Intelligent Metasurfaces (SIM) [4], and
Reconfigurable Holographic Surfaces (RHS) [5].

These advanced RIS architectures have demonstrated signif-
icant gains in communication performance. However, a major
challenge persists across all these approaches: channel esti-
mation [6]. The large number of channel coefficients inherent
in RIS-assisted systems imposes strict requirements on pilot
signaling, especially as the number of users and RIS elements
increases. In such cases, obtaining accurate channel estimates
may become prohibitive, thereby limiting the scalability of
these systems. This challenge is further intensified in multi-
RIS scenarios [7], [8], [9], [10], where the number of effective
channels grows even larger, making reliable estimation with a
limited pilot budget increasingly challenging.

A. Prior and Related Work

Several studies have investigated channel estimation tech-
niques for RIS-assisted systems. In [11], a deep learning-based
approach was proposed and evaluated using a compressed
sensing method. Similarly, [12] studied a deep neural network
to improve compressive channel estimation by applying a
complex-valued denoising convolutional neural network in
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millimeter-wave systems. Meanwhile, [13] employed Bayesian
learning for channel estimation in massive multiple-input
multiple-output (MIMO) systems. A key insight in most chan-
nel estimation studies is that the RIS reflects signals from all
users to the BS through the same propagation paths, which re-
sults in correlation among the user—RIS-BS reflected channels
that can be exploited to reduce channel estimation overhead. In
[6], the authors proposed a two-timescale channel estimation
strategy using deterministic modeling and a maximum like-
lihood estimator to reduce pilot overhead without hardware
complexity, whereas [14] introduced a three-phase framework
that exploits channel correlation by disabling the RIS during
the first phase. In contrast, [15] introduces an “always-ON”
protocol, where the RIS remain active throughout the channel
estimation process. This not only eliminates the need for on-
off amplitude control but also offers a more realistic imple-
mentation. For dealing with multi-RIS MIMO systems, [16]
proposed a semi-blind PARAFAC-based approach for joint
channel estimation and symbol detection using alternating
least squares (LS).

Recent efforts such as [17] have considered pilot-aided
estimation schemes with time-varying channels in RIS-assisted
cell-free systems. Complementary approaches have focused on
improving estimation accuracy in dynamic environments. In
[18], a Kalman filter-based scheme was proposed to track
time-varying RIS channels under user mobility and pilot
contamination, which was further extended to handle hardware
impairments using an extended Kalman filter. In [19], a two-
stage transmission protocol combining Kalman filtering and
deep learning was introduced to enable low-overhead chan-
nel tracking and prediction. Furthermore, [20] explored deep
learning-based channel prediction using active RIS elements,
emphasizing the impact of element arrangement on estimation
accuracy. Nonetheless, these approaches rely on uncoded
systems, where channel estimation is performed solely based
on pilot symbols, without leveraging the parity bits available
in encoded data to enhance estimation performance.

To address this limitation, a few works have explored code-
aided channel estimation techniques. In [21], a code-aided
channel estimation method was proposed for LDPC-coded
small-scale point-to-point MIMO systems under block-fading
conditions. This method exploits the sparsity of the low-
density parity-check (LDPC) parity-check matrix to approxi-
mate the likelihood of valid codewords and refine the channel
coefficients through coordinate ascent optimization over the
in-phase and quadrature components that are used to compute
the log-likelihood ratios (LLRs). Although accurate, such
approaches are computationally impractical for large-scale
systems such as RIS-assisted or multiuser MIMO scenarios.
In a related work, an iterative channel estimation and LDPC
decoding scheme with encoded pilots was proposed in [22]
for SISO OFDM systems using BPSK modulation. However,
this method does not exploit temporal channel correlation and
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relies solely on decoder feedback for refinement. Although
encoded pilots (EP) are not strictly required for joint channel
estimation and decoding, their known positions and values can
be exploited by the decoder as reliable bits, allowing faster
convergence or lower bit error rates in low-SNR regions.

B. Contributions

Motivated by these observations and by our previous work
in which an iterative detection and decoding (IDD) scheme
was developed for RIS-aided systems [23], this work extends
that concept to jointly perform channel estimation. The earlier
scheme combined LDPC codes with iterative refinement of the
LLRs exchanged between detector and decoder. In this work,
the proposed framework integrates channel estimation into the
iterative process, jointly performing detection, decoding, and
estimation by exploiting both encoded pilots and parity bits,
thereby improving convergence speed and robustness to chan-
nel variations. In addition to decoder feedback, the receiver
incorporates extrinsic information from previous estimates,
enabling the channel to be refined iteratively. The use of
encoded pilots is particularly beneficial when only a limited
number of pilot symbols are available to obtain a coarse
estimate of the user—RIS-BS reflected channels, which are
subsequently refined through code-aided processing. Further-
more, the framework exploits temporal correlation between
consecutive packets to further reduce the number of required
coded pilot symbols for accurate channel estimation. A prelim-
inary version of this work was presented in [24]. The current
work significantly extends the previous one by incorporating a
more comprehensive channel tracking approach, an improved
decoding strategy, and a detailed performance evaluation under
various mobility and channel conditions. Specifically, our
contributions are summarized as follows:

« We develop an iterative channel estimation, detection and
decoding (ICEDD) scheme along with an efficient Iter-
ative Code-Aided Channel Estimation (ICCE) algorithm
for multi-RIS-assisted systems. The proposed framework
exploits both line-of-sight (LOS) and non-line-of-sight
(NLOS) components, while reducing pilot overhead by
leveraging the coding structure. The proposed scheme and
algorithm are compatible with various RIS architectures,
enabling flexible deployments.

o An iterative channel tracking (ICT) method with two-
time-slot transmission protocol is introduced to exploit
the temporal correlation of time-varying channels, further
improving estimation accuracy and efficiency.

e We provide an analytical study of the ICCE algorithm,
including its complexity analysis and a study of its
convergence behavior. The analysis is validated through
extensive numerical results under various LOS and NLOS
conditions, as well as different RIS configurations.

The remainder of this paper is organized as follows. Section
II presents the system model. Section III describes the ICCE
technique. In Section IV, we extend the estimation scheme to
ICT in temporally correlated channels. Section V analyzes the
convergence and computational complexity of the proposed
algorithms. Section VI discusses the simulation results and
Section VII concludes the paper.

Notation: Bold capital letters represent matrices, while bold
lowercase letters denote vectors. The symbol I, refers to an
identity matrix n X n, and diag(A) is a diagonal matrix with
the diagonal elements of A. The sets of complex and real

numbers are denoted by C and R, respectively. [[17% 17, and
[-1¥ denote the inverse, transpose, and conjugate transpose,
respectively. The Kronecker product is represented by ®.

II. SYSTEM MODEL

A single-cell multiuser uplink system featuring a multiple-
antenna access point (AP) assisted by R reflective intelligent
surfaces (RIS) arranged in a Uniform Planar Array (UPA) is
considered, as illustrated in Fig. 1. In this configuration, the
AP is equipped with M UPA antennas [25], [26] that support
K users, each equipped with a single antenna.

For each user, the information bits and pilot bits are jointly
encoded using individual systematic LDPC channel encoders
[27], and the resulting codewords are subsequently modulated
into xj by user k, using a finite modulation scheme. The
encoded packet has a fixed length of Nyjocx. We assume perfect
symbol-level synchronization among all users and, for clarity,
refer to the pilot and parity components prior to modulation as
pilot bits and parity bits, and to their corresponding modulated
values as pilot symbols and parity symbols, respectively. The
transmit symbols zj are zero-mean and have equal average
energy, satisfying E[|zx|?] = o2. These modulated symbols
are transmitted over block-fading channels.

Each RIS has L reflecting elements, and their reflec-
tion coefficients are modeled as a complex vector ¢, =
[e79 ..., e%])T, where 6, is the phase shift of the I-th
element of the r-th RIS. The corresponding diagonal reflection
matrix at time instant i is given by ®\) 2 diag(¢\”). The
M -dimensional received signal y(*) at time instant i is given
by

R
g = (H+Y G 8UF, + EO)x 40, (1)

r=1

where H € CM*K G, € CM*L and F, € CF*X represent
the communication links from the AP to the users, from the AP
to RIS-r, and from RIS-r to the users, respectively. The vector
x® 2 [0 21T represents the coded symbols transmit-
ted by the users at time instant ¢ and n(® ~ CN(0yy, U%IM)
represents the noise.

The signal component resulting from reflections between
different RIS at time instant 4 is denoted by E(®) ¢ CM* K,
Due to the multiplicative fading effect [2], this element has a
negligible effect on the received signal and is ignored in the
remainder of this work. Note that RIS can also be deployed
to reduce the effect of E(*).

The contributions of different RIS to the users can be
grouped in a concise expression by

" o 0] [F
y@ =[G, ...Gg] 0o . 0
o o &Y
L Hx® 4 n.

1 x® (@)
Fr

Grouping the matrices of the communication links leads to
vy = (H+ G.8YF,)xV 4+ n® = Hx® +n® (3

where H, represents the equivalent channel between the AP
and the users.
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Fig. 1. System model of an ICEDD
Eq. (3) is similar to that used for the representation of
a single RIS-assisted MIMO system, which differs only in
how the matrices are grouped. Therefore, the same techniques
can be used here. In addition to the grouped RIS phase-shift

matrix, ®V) remains a diagonal-only matrix. Therefore, the

e
received signal in (3) can also be written in terms of cp( R

given by
K .
y® = Hx® + Z chpéi)xg) +n®,
k=1

where Zj, = G.diag(f. ) € CM*Le with f, ; denoting the
kth column of the matrix F., and L. = LR represents the
total number of RIS elements in the system.

An estimate Zj of the transmitted symbol is obtained by
applying a linear receive filter wyi to the received signal,
without performing soft interference cancellation (SIC), as

“

2

-1

NG i i 0, o T = i

# = (wl)Hy() = (EIH, + HHH) hery®, (5)
where h, ;, € CM and H, £ [h.1,..., h, ;] € CM*K,

A. Enhancing Detection Through SIC

In the SIC detector [28], [29], [30], [31], [32], the received
vector y*) is processed by demapping, where a LLR is calcu-
lated for each bit in the transmit vector x(). For simplicity, we
omit the (¢) notation in this section. Therefore, the extrinsic
LLR value Lp associated with the v-th bit b, in the binary
code sequence is computed as follows

Dxenst Plylx, He)P(x)
erx;l P(Y|Xaﬁe)P(X)

Inspired by prior work on IDD schemes [28], [29], [30], [33],
[34], [35], [36], [37], [38], [39], [40], [41], [42], the soft
estimate of the k-th transmitted symbol is firstly calculated
based on the Lo (extrinsic LLR) provided by the channel
decoder from a previous stage:

[ )

T = ZxPr(mk =zx)= Zx

€A zeA
where A is the complex constellation set with 2M< possible
points. The symbol x! corresponds to the value (+1,—1) of
the Ith bit of the symbol x.

Lp(b,) = log Le(by).  (6)

MC

H [1+ exp(—lelc)}

=1

multiuser multiple-antenna system.

A symbol estimate uses SIC, where the value of ¢, € Cle
is fixed and wy, € CM is chosen to minimize the mean square
error (MSE) between the transmitted symbol x;, and the filter
output

wi = argmin F [’xk — nykﬂ . 7
Wi
It can be shown that the solution is given by
2 -1
g — —~H —
Wi = <_;Inr + HeAkHe) he,ka (8)
Uil)

where H, € CM*XK, l_le_,k € CM and the covariance matrix

Ay € CHEXK g

2 2 o
g g 2
T T Tp—1 Tk41 T
Ap=diag |—...——, L, ——....,— |, )
o: lop oz lop

where o2 is the variance of the kth user that is computed by

=Y |z -z’ Plax = ).

reA

(10)

B. Design of Reflection Parameters

The computation of reflection parameters builds upon the
work in [23], which focuses on their design based on the
minimum mean square error (MMSE) criterion. While that
work considers a single RIS, we generalize the approach to a
scenario with multiple RIS. This MMSE design refines LLRs
within an IDD system using MMSE receive filters that are
used to facilitate SIC at the receiver. The reflection parameters
computed by the MMSE criterion are given by

v, =B ', (1)
where K
B =) (WZ)"(WZy), (12)
k=1
K
¥ =Y (WZ;)" (e, — Why), (13)
k=1
where W = [wy, ..., wk]? € CE*M represents the recep-

tion filter matrix, e; € CX is a column vector with zeros,
except for the one in the k-th element, B € CLexLe and
¥ ¢ CFe. This method involves truncating the reflection



parameters to satisfy the RIS constraint |[¢],| = 1, for Vn,
which leads to the following truncation

[‘po]i
|[polil
Although this design does not meet the MMSE requirement
in a strict sense, it represents the closest feasible solution
under the unit-modulus constraint. This phase-projection ap-
proach preserves most of the performance of the unconstrained
MMSE solution while maintaining low implementation cost.
In practice, the reflection parameters are computed using
the estimated channel coefficients (H G, F) rather than the
actual CSI. In this work, the value obtained from the estimated
channels is denoted as ¢, since it is fully determined at the
AP and is selected based on the channel estimates, even though
it may not be optimal due to estimation and truncation effects.

‘po,trunc = eji(LPO) .

[('po.,trunc]i = (14)

C. Time-varying Channel Model

The flat-fading MIMO channel is modeled as a discrete-time
first-order Gauss-Markov process, where the channel remains
constant within each transmission block and evolves over time.
This reflects scenarios where the block duration is shorter than
or comparable to the channel coherence time [17].

For simplicity and considering a worst-case scenario, we
assume all users are equidistant from the AP and have similar
mobility. Thus, a common temporal correlation coefficient
p € [0,1] is adopted. The evolution of a generic channel
matrix—representing either a direct or reflected link—is given

by
b) _  ppb-1) (b
H =pH?™Y +/1-p2T{, (15)
where x € {direct, reflected} denotes the channel type, and
N CN(0,R,), and R, is the covariance matrix of H(b)

III. ITERATIVE CODE-AIDED CHANNEL ESTIMATION

In this section, we propose a novel channel estimation
technique for multi-RIS-assisted uplink systems that leverages
iterative detection and decoding with an encoded pilot and
LDPC decoding to reduce the number of pilots required to
estimate the cascaded RIS coefficients. All the pilots symbols
are encoded with the data bits using a systematic encoder;
therefore, the pilots symbols remain unaltered and can be
considered known by the receiver, as illustrated in Fig. 2.
The technique begins by estimating the direct channel and
obtaining an initial coarse estimation of the reflected RIS
channel. After the first iteration, the entire packet with es-
timated symbols is used as pilots to refine the estimation of
the reflected channel. Since the receiver is prone to incorrect
symbol estimates, this procedure is performed iteratively to
refine the channel estimation in each iteration.

To introduce this approach, we first explain how the direct
channel can be estimated, then describe the coarse estimation
of the reflected channel, and eventually show how EP and the
iterative processing enhance the overall estimation accuracy.

A. Direct Channel Estimation

To estimate the direct channel, we used an always-on
channel estimation approach without switching off the selected
RIS elements [15]. This protocol involves dividing the pilot
sequence into two partitions of equal size, allowing us to
represent the received signal for each partition as

yP = (H + Ge@gp)Fe)X(”) +n®),

(16)

Information

Original packet

Encoded packet
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Fig. 2. Systematically encoded packet and original post-modulation packet.

where p belongs to the set of pilot symbols. We define the
first and second partitions, respectively, as:

N,
7’1={p|ﬁ§]?§t+7p—1} (17
N,
Po = P|t+7§p§ﬁ+Np—1 . (18)

where NN, denotes the total number of pilot symbols.
By selecting the pilots and reflection parameter values such

Np +2
that z(P) = x(er 2 ) and &) = —<I>e<;p : ) we can define
the sum and subtraction of each received signal as

y(p) _|_ y(p‘f‘%)

5 = Hx® 4 u® (19)
and
(®) _ y(p+75°)
yo -y oz _ qu,gp)ppx(p) +u®, (20)

2

2
where u ~ CN (O, 2t In).

From (19), we can apply conventional channel estimation
methods to estimate only the direct channel. In this work, we
use the linear minimum mean square error (LMMSE) channel
estimator given by

2

-1
I:ILMMSE = Y (PHRHP + 2—7121) PHRH7 2n

where Ry := E[HHY] € CM*M denotes the channel

covariance matrix. The pilot matrix and received signal matrix
are, respectively, given by

(CKXN:D/27 (22)

P = [p5,17p5727 ey ps,Np/Q] S

Yy 4 y@+E) R | (N

Y
2 2

MXxN,/2
€ CMxN»/

p:

(23)
where p,, denotes the p-th transmitted pilot symbol vector,
whose elements belong to the constellation set A, and the
columns of P are orthogonal to each other. For this estimation
procedure, both pilot partitions are utilized, requiring a total
of N, = 2K pilot symbols.

B. Cascaded RIS Channel Estimation

To estimate the coefficients of the reflected channel without
interference from the direct link, we use (20). By rewriting the

received signal in terms of cp((f) using (4), the received signal
from the RIS can be expressed as

K

Z k(p(p)

(») y(p) y(p+ 5 L)

Ycascaded = + u(p)

(24)




Eq. (24) can be rearranged by concatenating the matrices
Z; and eliminating the summation, resulting in

yéfs)caded = [Zla R ZK](X(p) ® <p((ip)) + U.(p) (25)
= ZaA® +u®)
where Z,; € CMX*KLec j5 the concatenated matrix of the

cascaded channel for each user and A®) = (x(® @ (,ogp )

complex vector with K L. elements.
Since the symbols of partition P; are known by the receiver,
we can assume that A is also fully known. After N, pilot

transmission time slots, we can obtain the M x NN, overall

(1) (Np/2)
cascaded’ * * * ’ycascaded] as

Ycascaded = ZaIIAAp + U7 (26)

)is a

measurement matrix Y cascaded = [Y.

where A, = AW .. APN/2] ¢ CKLexNp/2 gpd U =
[u(l), ce u(Np/2)] c CMXNP/2.

This expression can be considered equivalent to a conven-
tional MIMO channel estimation problem, which allows us to
apply (21) to estimate the coefficients.

To mitigate multiuser interference, the matrix A, should be
orthogonal or semi-orthogonal, ensuring that the coefficients of
Z,; can be estimated independently for each user. This matrix
should be well conditioned to prevent noise amplification
when inverted. To this end, we generate A using Hadamard
sequences for x(i), while cp((f) is derived from the DFT matrix
[14]. Note that to estimate all channel coefficients, A, must
have at least a rank of K L., which may be infeasible in
some scenarios. Therefore, we propose to first obtain a coarse
approximation of the cascaded RIS channel using only a small
number of pilot symbols, specifically, an effective number of
pilots (N,/2) < K L., and subsequently refine the channel
estimates through an iterative estimation procedure.

Using an LMMSE channel estimator in (26), the coarse
channel estimate is given by

2

-1
5 a,
Zall,coarse = Yreflected (AfRHAp + T‘ZI) Af){RH 227)

T
C. Iterative Estimation

In this step, our goal is to use the entire decoded symbol se-
quence as input, even if some symbols are incorrectly decoded.
As shown in Fig. 1, the output of the IDD scheme provides
the decoded bits. By adopting the EP scheme [22], which
combines pilot and information bits through a systematic
encoder, the EPs can be exploited to assist the iterative channel
estimation and decoding.

For iterative channel estimation, the first step is to reap-
ply coding and modulation to transform the decoded bits
back into symbols. Then, we compute the Kronecker product
(x"® ©!") to obtain A, which enables the application of the
LMMSE channel estimator in (26). However, it is crucial for
A to remain semi-orthogonal and well-conditioned. Since the
phase configurations that satisfy these conditions differ from
those obtained using (11), we adopt a suboptimal approach for
the parity bits.

Assuming that the packet in Fig. 2 consists of NN parity
symbols, N, pilot symbols and Nj,¢, information symbols,

and that ©; = [cpg), <p£i+1), ...] represents the concatenation

of the reflection parameter vectors, we can express the reflec-
tion parameter vectors for each symbol as follows:

1 1 . 1
1 T “ o TNps_l
S . (28)
i 7Le—1 T(Le—l)’(Nps—l)
1 1 - 1
1 w wND/Q_l
©. = : ., (30)
1 wL;_l w(Lﬂ_l)’(Np/Q_l)
O, =[p, - -¥.], ¥, computed with (11)  (31)
—2mj —anj N
where 7 = e™: and @ = e ™ . If L. < =2, to

ensure pseudo-orthogonality between the RIS elements, we
concatenate L. x L. DFT matrices such that the condition
qLe > % is met, where ¢ € N* is the number of concatenated
matrices. This ensures pseudo-orthogonality in A for both
sequences of parity bits and pilots, while preserving the
information symbols with the optimal reflection parameters.
Note that since the same optimal phase configuration is applied
to the information symbols, ©, is a low-rank matrix, which
minimally contributes to the channel estimation.

Two signal models are considered for estimating the cas-
caded channels. In the first signal model, only the pilot
symbols are used to obtain a coarse estimate using (27), which
is less affected by noise since the equivalent noise power
is reduced according to (20). In contrast, the second model
employs all transmitted symbols to obtain a refined estimate
as

2 —1
Zall = Ycasc (AHRHA + O—_ZI> AHRH (32)
g

x

The initial symbol estimates may contain errors, which can
propagate to the channel estimation. To mitigate this effect,
the channel estimates are iteratively refined and the symbols
are reprocessed until convergence is achieved or a predefined
maximum number of iterations is reached. The pseudo-code
of the ICCE algorithm is shown below.



Algorithm 1 Encoded Pilot Packet Generation

Require: Input bitstream by, for each user k
Ensure: Symbol stream for user k: [x,(cl), . :c,ngerN"JrN‘"“)]
1: for k=1to K do
2:  Generate auxiliary pilot symbols for user k: Xux = Sa-
Hadamard(k)
if LOS system then
Construct pilot vector: X, = [Xaux; Xaux]
else if NLOS system then
Construct pilot vector: x,
end if
Generate pilot bits: b, = demodulate(x,)
Assemble pilot+data bitstream: bpacker,x = [bp ; bi]
10:  Encode: ¢ = encode(bpacket k)
11:  Modulate: [xg), e z,(CN‘”JerJrNi""“)]
12: end for

= [Xaux]

R R AN

= modulate(c; )

Observation: S 4 represents an arbitrary symbol from the constellation A, and
Hadamard (k) refers to the k-th row of a Hadamard matrix. The resulting pilot vectors are

mutually orthogonal across users, facilitating interference-free separation at the receiver.

Algorithm 2 Channel Estimation and Refinement (LOS)

Require: A, Oy, O, O,
Ensure: Estimated channels: H, Zan

1: Receive Signals: Obtain y (%) and y<"“Jr 2°) based on partitions P; and
P2
2: Direct Component:

) . Np
oy 4yt
direct 2
(4) (i— 1+—”)
ydlrecl7 o 7yd1recl
o Estimate direct channel via LMMSE:

e Compute: y

e Form matrix: Y, =

2 -1
H=Y, (PHRHP+ 5 n 1) PRy
&C
3: Reflected Component:
. Np
y@® — ('+T)
Compute: y &)
° P Yreflected — 2
. 1+P)
o Form matrix: Yreflected = |:yr(ef;ected7 T 7yfezﬂe(.led

e Coarse channel estimation:
2

A H g,
Zall,coarse = Yeflected (Ap RHAP + 2(:2

x

-1
1) ARy,

where A, = [)\;1), e 7>\£7Np/2)} and )\g) = (x;i) ® cpg)).
4: for t = 1 to Max Iterations or until NMSE < tol do

5: IDD Scheme (SIC): Apply the iterative detection and decoding as
described in Sec. II-A

6: Refinement:
. Build:

A = [ﬁ;(l) ® ‘P]gsl)v L ,)"((NP5+NP+Ninfo) ® <PE)NPSJprJfNinfo)i|

. Refined channel estimation:

2 -1
Za]] = Ycasc (AHRHA =+ %I) AHRH
T

7: end for

Observation: In the NLOS case, the process starts directly from the reflected component,
as yslrla = 0 and x), = [Xqu]; that is, the pilot is not repeated.

IV. ITERATIVE CHANNEL TRACKING FOR TEMPORAL
CORRELATED CHANNELS

In this section, we propose exploiting the temporal cor-
relation between adjacent transmitted blocks to improve the
efficiency of the ICCE algorithm. Assuming that an enhanced
channel estimate from the previous time instant, obtained
through the ICCE algorithm, is available, the current reflected
channel can be estimated as

zy = Zy "V + B (33)
where Egst ' denotes the estimation error associated with
the previous block (indexed by b—1). Under the assumption
that all channels are independent and identically distributed
Rien = JEIM), and using the time-varying model in (15),
the normalized mean-square error (NMSE) associated with this
estimate is given by

b b
|28 - 23]

b
|21

[ b—1 b b—1 =1\ |I?
E H/)Z;(in ) +/1-p? I‘r(eﬁ) - (Zé(lll ) +E§st ))HF

el

est — ®)
e 22
F

This formulation enables a direct comparison with the
coarse, low-rank estimate introduced in Subsection III-A. In
particular, if the inequality

& = (34)

2(1 — p) + 62, where &

%

2(1 - P) + 6gst < NMSEcoarse (35)

is satisfied, then reusing the enhanced estimate from the
previous frame offers a more accurate initialization for the
iterative algorithm than relying solely on a fresh, structurally
constrained raw estimate.

Assuming a LS estimator instead of LMMSE for simplicity,
the value of NMSE.sc can be computed as

2 [lun:)

4 } (b) G0
BT

where APAT acts as an orthogonal projection operator onto the

column space of A,, whose rank depends on the propagation
condition, given by

NMSE oase = E |:HI — LAp p

N, /2, for LOS,

Rank(A,) =
N,,  for NLOS.

(37)

Exploiting this property and the fact that A, is pseudo-
orthogonal, (36) can be rewritten as

Rank(A 2
ank(4,) | o

N MEcoarse =1- —.
S KL, (38)
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Fig. 3. ICT Protocol for LOS and NLOS scenarios.

Hence, if

Rank(A,) N O‘Li,t B 0_721, 39)

2K L, 2 402
it becomes more advantageous to use a prior estimate from
a previous block—refined through the ICCE—than to rely
on a coarse initial estimate. In a practical NLOS scenario,
for typical parameters N, =96, K = 4, L. = 32, *625[ S
[1073,1071], and 02 /02 € [0, 1], the right-hand side of (39)
is approximately 0.63-0.88. Hence, assuming block durations
on the order of tens of microseconds at f. = 5 GHz , this
corresponds to p =~ 0.99, which is equivalent to coherence
times of approximately 3—4 ms for user speeds of 6-9 m/s.
Under these conditions, consecutive channel realizations re-
main highly correlated, confirming that the proposed reuse of
the previous block’s refined estimate is indeed advantageous.
This strategy not only improves accuracy but can also reduce
the number of iterations required for the NMSE to converge to
that of a full-pilot benchmark, improving convergence speed
and efficiency.

Alternatively, one may prioritize reducing pilot overhead
in subsequent frames by relying on coarser updates, ac-
knowledging that this may increase 5> and lead to some
performance loss. To mitigate the accumulation of residual
error, the channel estimation can be scheduled periodically,
for instance, every Ny frames.

We propose a two-stage channel tracking protocol for both
LOS and NLOS scenarios. In the First Stage, the steps from
Section IIT are executed, treating channel estimation as an
iterative process refined over time. In the Second Stage,
temporal coherence is exploited and divided into two cases,
as shown in Fig. 3:

e LOS: Only the reflected channel is iteratively estimated;
pilot symbols for the direct channel are still needed but
remain uncoded. Specifically, NZ’) pilots are sent before
the frame block, and the direct channel is estimated using
the LMMSE estimator in (21). For the reflected channel,

the prior estimate is reused (Ziﬁ) = Zgﬁ_l)), followed by
the iterative steps from Section III-C.

o NLOS: With no direct link, the always-on direct channel
protocol from Section III-A is unnecessary. A reduced

number of pilots, Nzl>/ <& N,, is used. As in LOS, the
previous estimate is reused (Z,Eﬂb]) = Zgﬁ_l)), and the
encoded pilots, denoted by Nzl>/ , are retained solely for
SIC during decoding.

p> 05+

V. ANALYSIS

In this section, we present an analytical investigation of the
ICCE and ICT algorithms with respect to four key perfor-
mance metrics: spectral efficiency, NMSE, convergence behav-
ior, and computational complexity. Each aspect is examined to
provide a comprehensive understanding of the trade-offs and
benefits offered by the proposed algorithms.

A. Comparison of Code Rates

In the previous sections, we presented the ICEDD scheme
which employs encoded pilots, where pilot bits are jointly
encoded with the data bits. In this approach, the number of
pilots can vary from block to block, adapting to the level of
temporal correlation in the channel. While this strategy en-
hances estimation accuracy, it introduces additional overhead
and thus reduces the spectral efficiency. For a fair comparison
between schemes, we define the effective code rate as

o _ Number of data bits
¢ Total Block Length

Np1+ (Nyp—1)Np2
N, T

(40)

where NV, ; denotes the number of data bits in Stage 4, T' is
the block length (including parity, pilots and data bits) of each
frame, and Ny is the update period for channel estimation (i.e.,
one block is used for estimation, while the subsequent Ny —1
blocks rely on channel tracking). For a system without channel
tracking, we set Ny = 1 and consequently Rt = Ny, 1 /T.
This metric characterizes the effective payload of the system
by accounting for both coding redundancy and pilot overhead
within each transmission block. Based on the parameters
listed in Table I, the effective code rate computed using (40)
is depicted in Fig. 4 as a function of the block length,
where the number of frames NNy ranges from 1 to 20. The
configuration without channel tracking is indicated by the blue
curve (Ny = 1). Due to the increased pilot overhead, the
NLOS scenario yields a more pronounced gain in spectral
efficiency. As the number of frames Ny and block length
Npiock increases, both methods approach the LDPC code rate.

TABLE 1
SIMULATION PARAMETERS FOR LOS AND NLOS SCENARIOS
Parameter LOS NLOS
LDPC Code Rate 0.5 0.5
Number of pilots Stage 1 16 96

Number of pilots Stage 2 16 16
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Fig. 4. Spectral efficiency comparison.

B. MSE Analysis of Channel Estimation Error

In this subsection, we derive the MSE of the ICEDD scheme
for a multi-user multi-antenna system. We start by analyzing
the NLOS case because, in ICEDD, the iterative refinement
acts only on the cascaded user—-RIS-AP channel, whereas the
direct-link channel H is estimated independently and does not
affect the computation of Zyj coarse- For further refinements of
Z,y, the presence of a direct channel introduces additional
MSE components, which are analyzed later in this subsection.

To evaluate the impact of decoding errors on this estimation
process, we characterize how symbol-level errors affect the
refinement of the cascaded channel. In the proposed ICEDD
scheme, all re-modulated symbols are reused as pilots, regard-
less of whether they were correctly decoded or not. Assuming
that the system employs QPSK modulation' and that the
LDPC decoder outputs binary data, the re-modulation and
re-encoding process shown in Fig. 1 may introduce symbol
errors due to bit-level decision errors. However, since QPSK
has only four constellation points, each re-modulation error
leads to one of three possible incorrect symbols. Thus, the re-
modulation error can be modeled as a discrete random variable
representing the phase deviation aa between the transmitted
and decoded symbols.

TABLE 11
PHASE ERROR MAPPING IN REENCODED QPSK SYMBOLS

an | LJaa] [ Error Probability (P,) | Bit Errors (V)
1 0° (1—¢)? 0
J 90° er(l — € 1

-1 | 180° €2 2

i | 2700 (1~ e) 1

Assuming Gray mapping, Table II summarizes the possible
phase errors and their associated probabilities, based on the bit
error probability €, for each BPSK component (in-phase and
quadrature). The bit errors are assumed to be independent.

This phase distortion can be modeled by the complex-valued
random variable aa, for which the following approximations
hold

E [OzA] =1- 2€b,
Var [aa] = 4ep(1 — 6) = 4ep

(41)

for €, < 1. 42)

IThe derivation can be extended to an M -ary constellation with M > 4;
QPSK is adopted to simplify the analytical expressions.

Furthermore, the average bit error rate (BER) for the QPSK
system is given by the expected number of bit errors per
symbol

BER =) " PN, = 26,(1 — &) + 2¢; = 26y, (43)

which leads to the relation

BER
€p 9 .
To incorporate decoding errors into the channel estimation
model, we define a modified pilot matrix. The transmission
block has a total length of T' = Ny + N, + Nino, Where
Nps, Ny, and Ny, denote the numbers of parity, pilot, and
information symbols, respectively, as defined previously. Each
column of the ideal matrix A € C*¥%<*T as introduced in (26)
is distorted by a diagonal matrix Q) ¢ CK*K The entries
of QW are independent random variables whose values and
associated probabilities are defined in Table II. The resulting
reference matrix, Aps € CELeXT ig then given by

(44)

A = [(mem) 2o ... (QDzM) ®¢<T>} . (45)

where
Aagi) 0 xgi) Aagi)zy)
QWx® — | . : = :
0 e Aag? x([? Aa([?acg?

Each column of A.f can also be expressed using the
Kronecker product:

(QDxD) @ @ = ( QD @1, )(xP @ ™)

= QD o1, )AD. (47)

Using the reference matrix, the LS estimator from (26)
becomes:

Zat = Yeascade ALy = Zan AAL, + UAT . (48)

Defining o) =g I, which remains diagonal and

kron

unitary, we can expand the product AA!, where both Q9

ref? kron
and AAJLef are complex matrices in CKEexKLe ag

T
> (@) TAO AT

=1

AAT _

ref —

T -1
3O A0 Am)H] _
=1 (49)

Assuming sufficiently large 7', we approximate the second
sum by its expectation

T
S AOANT 2 EXIANNIT = 02TTgep,. (50)
1=1

Substituting into (49), we get

T
1 i i)y (i
AN~ 5 () A 5D

i=1



Using this approximation in the LS estimate (48), we write
the MSE as
2
)

MSE = E |:H2all —Za

—E {Hza11 (AAL -

1)) +2[Joat

MSE>

2
} . (52)

MSE;

Assuming uncorrelated entries in Z,; ~ CN(0, oﬁ), the first

term becomes

wse, = o2 T fi [ (anl-1)" (aal, - 1)]}
= Mo'g - Tr {E [HAALf 2] —2E [AALJ }
= E[|Za3] [N(K Lol 41’2] Y

where the derivation of MSE; is provided in Appendix A.
For the second term, the noise term, we use results from
random matrix theory and the Wishart approximation [43] for
H .
Aver (Arer)” to write
2
F}

|:(Aref (Aref)H) 1]

KML, )
= —— - 0,
(T — KL,o2 n

MSE; =

ref

e[ Joa

= Mo?2 - Tr
(54

forT'> KL..
Substituting (53) and (54) into (52) and normalizing, the
NMSE (NMSE = MSE/E [||Z.n||%]) is given by

LK (%) o :
T (I' — KL.)o20? '

NMSEnNrLos =

(55)

From this expression, it follows that in the absence of

systematic errors (p — 0), and for sufficiently large pilot

length for (50) to hold (i.e., T' > L.K), the NMSE attains its
minimum value:

0.2

_'n 36
(T — KLg)o202' (56)

The MSE analysis for the iterative estimation process can
be further extended to scenarios involving a LOS link. Let
¢/ 2 NMSEpos. The derivation shown in Appendix B yields

NMSENLOS, min =

Le(K—(1-2p)%) 02 0c
g 4p? 57
c '{ T T—KL)o2o? "] ©D
where
KO’% L.o?
e = 1 d h=—"5—. (58
¢ (072Z +2Ko20} + ) ane m 0} + Leo? (58)

It is worth noting that when o7 — 0, the direct link
vanishes and the expression naturally reduces to the NLOS
case, confirming the consistency of the model. Conversely,

for large o7, corresponding to a strong LOS component,
Leaz
O'i-‘rLeO'g

the scaling factor K = decreases approximately as

1/ O’h, while o, saturates to a ﬁnlte value. As a result, e’ also
decreases proportlonally to1/ ah This implies that, in strongly
LOS-dominated scenarios, the estimation error associated with
the cascaded channel can be largely reduced, and the overall
NMSE decreases accordingly.

C. Convergence and SNR Threshold
In this subsection, we derive the evolution of the NMSE for
channel estimation as a function of the number of iterations
and compute the SNR necessary for the iterative method to
converge. The channel estimation error can be expressed as
7, =7, +E{)

est

(59)

where E§§> denotes the channel estimation error at itera-
tion 8 of the ICCE, where the channel estimation is per-
formed/enhanced. Approx1matmg this error by the matrix
E§§> ~ CN (0,07 ﬁM I;,,) with complex Gaussian random
variables. Substltutmg (59) into (4) and assuming a NLOS

channel, we obtain

K

y @ =32+ BE el ) +n® (60)
j=1

= ZipWaf) + Z Z;pla) + Z EL ezl +n®

Jj#k

Assuming that each reflective element applies an indepen-
dent random phase shift, representing a suboptimal receiver
scenario (i.e., worse than coherent combining as discussed in

[2]), the multiplication by <pg) introduces a random phase

rotation. Then, the terms Zj cpg and Egg)cpe) become linear
combinations of M independent Gaussian variables. There-
fore, they follow complex Gaussian distributions given by

0; = Zjpl) ~CN(0,02M1z), (61)

¢ = EL o ~ cN(0,02 ;M1L,). (62)

Defining  the  estimated  channel  matrix as
Y = [D1,...,0,]T, and applying a linear receive filter

as in (5), the detected symbol Zj can be expressed as the
sum of three components: signal plus interference, estimation
noise, and AWGN noise, as follows:

& = (wHITxD 4 (wi) e %D 4 (wi?)In® . (63)

signal + interference estimation noise AWGN noise

With this representation we can approximate the results for the
linear detector in [44], where the SINR follows a chi-square
distribution, where the mean SINR per channel is given by
_ Ma?o? o?
,y = M 2 2 + 2 = 2 o2 (64)
TepTe T On 0?5+ g7y

Assuming that o2 eg > MUZ , the mean SINR can be approx-

imated by § ~ 02/0 . Using this SINR as SNR (negligible
interference), the analytlcal expression for the bit error rate
(BER) with QPSK modulation can be approximated by

O'g )
24

BERQPSK ~ Q ( (65)



where (. denotes the coding gain, with G. = 1 for an
uncoded system.

Now, comparing the estimation error at iteration S from
(59) with that at iteration (8 + 1) from (52), and substituting
p from (44), we obtain

NMSE®) ~ o2
Le(K — (1 —2p)*)
T

0.2

T T RL)er @ <

Considering a sufficiently large pilot length such that (50)
holds (i.e., T > L.K) and noting that (1 —2p)? < 1, the term

2
M tends to zero. Therefore, we have

(66)

NMSE®F+D) ~

2
2
%G) . (67)
Te

g

2
2
NMSE®#+1) = NMSE i + Q < = Gc> . (68)
pp

Intuitively, as the estimation error variance NMSE(?) (02 5)
decreases, the Q-function argument increases, leading to a
smaller value of () and hence a lower NMSE®#+1) When
0?2 — 0, the Q-function tends to zero (i.e., all symbols
are correctly decoded), and the minimum is achievable. This
represents the performance limit of the ICEDD scheme.

For the convergence of the estimation enhancement, the
NMSE must decrease with each iteration, by comparing equa-
tions (66) and (67), we arrive at the following condition:

NMSE®® > NMSE#+1) (69)
2
2 o2
Ocp > NMSEin + @ O‘TGC ) (70)
e,
2 2 2
2 & In
_ | % @, SR — 71
Oe,B Q ( ai_ﬂG ) > (T — KLG)O-:%O-E (71)
o2 1
J_; (72)

> 2
T-KL 2 2 G, 2
-1 (a2, -a(fF0) )

From the inequality above, we observe that the required user
transmit power o2 must exceed a certain threshold to ensure
the convergence of the iterative processing. This threshold
is influenced by the initial channel estimation error O'g, the
variance of the effective channel o2, and the coding gain G..

The estimation error o2 is inversely related to the number of
pilot symbols used in the coarse (initial) channel estimation.
A smaller number of pilots leads to a higher estimation error,
which in turn increases the minimum required transmit power
for convergence. Conversely, using more pilots improves the
initial estimate, reducing the power required for the enhance-
ment process to be effective. Furthermore, the inequality
reveals two additional key insights:

e A higher coding gain GG, improves convergence condi-
tions by reducing the required transmit power.

o An increased channel variance o2 also reduces the power
needed for convergence.

These observations highlight the impact of pilot allocation,
transmission power, coding strategies, and channel on the
performance of the ICCE algorithm.

D. Computational Complexity

The computational complexity of the ICCE and ICT algo-
rithms is evaluated in terms of the number of complex floating-
point operations (flops) required for the IDD and channel
estimation. A simplified system model, shown in Fig. 5, is
adopted for the analysis. The exact cost may vary slightly
depending on the specific implementation, and it is assumed
that N > M > K.

Modulation Z.1 () o )
—> IDD & Encoding A @
refined
7} |

Fig. 5. Simplified system model.

1) IDD block: The dominant term stems from the matrix
inversion in (8). Using Cholesky factorization [45], the
complexity is O (%M?’) This operation is performed for
K users and T' symbols in each packet, at every IDD
iteration. The LDPC decoding complexity per iteration
is approximately O(207), where ¢ is the number
of decoding iterations. In this work, ¢ = 10, which
is relatively small compared to the matrix operations.
Therefore, the overall dominant term is

O (3MPKTy),

where p denotes the number of detector—decoder itera-
tions in the IDD process.

2) Modulation & Encoding: Encoding uses a systematic
generator matrix Gpppc € {0, 1}TEMexTMey with code
rate R. The coding is performed in GF(2) as ¢ =
bGippc for each user. The cost of the direct matrix
product (bitwise AND and XOR operations) is

Oy (2T*R(1 — R)Mj) per user.

Assuming R = 1/2 and QPSK (M}, = 2), and consid-
ering K users, this simplifies to

Oy(2T?K) total,

which is negligible compared to the IDD complexity.
3) x @ @ : Considering all transmitted symbols, the
complexity is
O(KNT),
which is negligible relative to the other processing
blocks.
4) Cascaded channel refinement: The main computa-

tional cost arises from (32) when computing Hyymsk.
Assuming T' ~ L. K, the dominant term is

O (2L3K?).

Assuming that 8 denote the ICCE iteration, the total com-
plexity of this system can be defined as:

o < [MPKTpu+ L3K?] 25)
3




VI. NUMERICAL RESULTS

In this section, we assess the proposed ICEDD scheme
along with the ICCE and ICT algorithms against competing
approaches using numerical simulations. A regular LDPC
code, generated using the McKay method with a block length
of 2048 and a code rate of 1/2, is employed alongside
the QPSK modulation. The channel is assumed to experi-
ence block fading and the estimation of the channel state
information (CSI) is done at the AP receiver. Two uplink
scenarios were evaluated: LOS (weakened direct link with
strong reflected link) and NLOS (no direct link and strong
reflected link). Path loss models follow the 3GPP standard
[46], and the system parameters are presented in Table III.
To account for small-scale fading effects, a Rayleigh fading
channel model was adopted for all examples. Each figure
displays two results for the same scenario using subplots. A
shared legend is included and applies to both plots.

TABLE III
SIMULATION PARAMETERS
Parameters Values
Frequency 5 GHz
Bandwidth 1 MHz
Noise power spectral density -170 dBm/Hz

Path loss AP-RIS; RIS-Users (dB)
Path loss AP-Users (dB)
Numer of AP antennas

37.3 + 22l0g10(d)
32.4 =+ 3010910(6[)
8

Number of Users 4
Number of RISs 2
Number of Cells (per RIS) 16

Location of AP
Location of RIS
Location of RISy
Geometric center of users positions
Users Spatial Radius

(Om, 0 m, 0 m)
(500 m, 10 m, 0 m)
(500 m, -10 m, 0 m)

(500 m, 0 m, 0 m)
5m

In the curves presented in Fig. 6, we compare the Per-
formance Limit (PL) — defined as the lowest achievable
NMSE of channel estimation when all symbols are perfectly
decoded at a given transmit power per user Pr — of the pro-
posed ICCED scheme with three baseline channel estimation
methods: (i) Baseline 1 (B1) [14], which uses a conventional
on—off channel estimation protocol; (ii) Baseline 2 (B2) [14],
a three-phase pilot-based channel estimation framework that
exploits the correlation among the user-IRS-BS channels;
and (iii) Baseline 3 (B3) [15], which leverages the common-
link structure to reduce pilot overhead. Fig. 6 illustrates the
NMSE performance versus the transmit power of the users
Pr, demonstrating the effectiveness of the proposed ICEDD
scheme and the superiority of the proposed ICCE algorithm to
the baselines. As each technique operates with different pilot
lengths, the results are shown for multiple pilot configurations.

In the LOS scenario, ICCE achieves the same estimation
accuracy using only N, = 16 pilots at low SNR, compared
to 128, 64, and 48 pilots required by Bl, B2, and B3,
respectively. In the NLOS scenario, ICCE requires a larger
number of pilot symbols due to the absence of a direct link.
Nevertheless, it still provides a significant performance gain
compared to the conventional baselines.

The results of ICCE in terms of NMSE and BER as
functions of Pr for two specific scenarios, LOS and NLOS,
are depicted in Figs. 7 and 8, respectively. The parameter
B corresponds to the iteration index in the ICCE channel
estimation process, as defined earlier. The performance im-
proves as the number of Pr increases. In Figs. 7, the apparent
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Fig. 6. Comparison between ICCE and other channel estimation techniques
proposed in the literature.
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Fig. 7. ICCE LOS RIS-Assisted system with N, = 16.
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Fig. 8. ICCE NLOS RIS-Assisted system with IV, = 96.
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Fig. 11. ICT NLOS RIS-Assisted system with N = 96 and N, = 16.

difference in performance curves for the coarse estimation is
mainly due to the chosen z-axis scales: in the NMSE plot,
Pr ranges from 5 to 22 dBm, while in the BER plot it
ranges from O to 7 dBm. In the LOS case, the PL is achieved
with only a few iterations (8 = 1) due to the presence of a
direct link, which significantly aids in estimating the received
symbols. Conversely, in the NLOS scenario, where the direct
link is absent, multiple iterations (depending on the SNR)
are required to reach the peformance limit. In both scenarios,
improvements in NMSE and BER are observed, particularly
at medium-to-high SNR levels.

Figure 9 presents the results for a LOS scenario using ICCE
with a block length of 1024 and various RIS configurations.
The results demonstrate that ICCE can be adapted to different
RIS setups and effectively exploits their characteristics. Note
that the SIM-RIS yields the lowest performance, whereas the
beyond-diagonal configurations achieve the best results.

Figs. 10 and 11 evaluate the ICT algorithm’s performance
in LOS and NLOS scenarios, respectively, exploiting temporal
coherence with the parameters in Table VI. In both cases,
time-correlated channel samples were generated according to
the Jakes model. In the LOS case, ICT achieves estimation
performance comparable to the ICCE PL while employing
channel tracking and operating at a higher effective code rate.
For NLOS, shorter coded pilot sequences are used in the
second stage to improve spectral efficiency. This results in
slight performance degradation; however, as SNR increases,
the ICT NMSE approaches the performance limit.

Comparing with the ICCE-based system in NLOS (Fig. 8),
ICT converges more rapidly despite the slight degradation.
This gain stems from refined channel estimates leveraging
temporal correlation across blocks, allowing reduced pilot
overhead while maintaining higher accuracy than the initial
coarse estimates. Finally, under NLOS conditions, ICT re-
quires more pilot symbols to compensate for reduced channel
observability due to the lack of a direct path. Although its
estimation performance remains slightly below that of the
ICCE PL, the gap narrows considerably at higher SNRs,
highlighting the benefits of exploiting temporal coherence.

To evaluate the impact of error propagation, burst errors
of different lengths were injected into the coded blocks.
As illustrated in Fig. 12, the proposed framework maintains
convergence for moderate burst lengths (beprors < 64), exhibit-
ing no substantial accumulation of estimation errors across
iterations. Noticeable degradation arises only under severe
burst conditions (be;rors = 96) combined with high transmit
power levels (Pr > 25 dBm), indicating localized error
propagation. Overall, these observations demonstrate that the
proposed method is robust to burst-induced disturbances and
preserves stable operation under typical operating scenarios.

TABLE IV
ADDITIONAL PARAMETERS FOR ICT
Parameter LOS NLOS
Frame Repetition Factor (Ny) 20 20

Doppler frequency (fpoppler) 150 Hz 100 Hz
User speed (vg) 9m/s 6m/s
Coherence time (t.) 2.82ms | 4.23ms

Block duration (73) 32 us 32 us
Inter-block correlation (p) 0.9888 0.9925
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Fig. 12. NMSE performance under burst error injection with different burst
lengths.

VII. CONCLUSION

In this study, we proposed a novel iterative channel es-
timation, detection and decoding scheme, denoted ICCED,
along with the ICCE channel estimation and the ICT channel
tracking algorithms for RIS-assisted MIMO systems. Unlike
existing approaches, ICCED exploits coding in the uplink to
use parity bits for both decoding and channel estimation while
employing encoded pilots to enhance performance. The pro-
posed ICCED scheme, ICCE and ICT algorithms significantly
reduce the minimum number of pilots required for both LOS
and NLOS scenarios, achieving superior performance in LOS
scenarios. Numerical results show that proposed approaches
have large performance gains over competing techniques in
terms of channel estimation NMSE and BER.

APPENDIX A
DETAILED ANALYSIS OF MSE;
From (53), we express MSE; as
]

—_———
S1

—2E [AAL] +10.k}.

——
So

MSE; = Mo? - Tr{ E [HAAT

ref

(73)

Using (51), the term Sy can be computed as

472 (a) a0

L i E {(n“) )H] E[AOA®)"]
O‘%T P kron )

(74)

e A,

}:E

where the last step assumes independence.

Since Ql(;()m is diagonal, and applying (41), we obtain the
expression in (75). To evaluate S; , as shown in (76), we
distinguish between two cases: ¢ = j and ¢ # j, and utilize

@ (q® 7
the identity Q) (Qk) .

Finally, substituting the expressions (74), (75), and (76)
into (73), we obtain

MSE; = ML.Ko? [Lo(K — (1= 2p)2)/T + 4"
=E [|Zan|l}] [Le(E — (1 - 2p)?)/T + 4p°]
APPENDIX B

MSE ANALYSIS OF THE CHANNEL REFINEMENT ERROR
UNDER LOS CONDITIONS

Using the results of [30], the channel estimation error can
be modeled as

H=H-H, (77)
where each element is approximated as
hij ~CN (0,02(1 - 0)), (78)
with
2 —1
= (1422 (79)
e 2Ko203 '

By substituting o into the previous expression, we obtain

ooy~ ON (0, %0 (80)
I "o+ 2KU§U% '
Since N
y:Hx—l—n:I:Ix—l—(Hx—l—n), 81
—_———

the term u. represents the combined effect of the channel
estimation error and the additive noise. We assume that h; ;
and the receiver noise n ~ CN(0, 02) are statistically indepen-
dent, and that the transmitted vector x contains symbols drawn
from a discrete uniform QPSK constellation. Consequently, the
multiplication by H only rotates the symbol phases and does
not alter their statistical distribution. Hence, their sum can be
expressed as

Koio?

_ NOROn 2
u. ~CN <0, <a721 2K o207 + on) IM> . (82)

To compute the MSE of the refined channel estimation,
the noise matrix U in Eq. (47) is replaced by U, =
[ug),...,uéHTfl)]. This substitution does not affect the

value of MSE;, while the second term becomes

MSE, 105 = Tnle (83)
POS AT ZKL)o20?’
where )
Kah
o= ——h 1 84
e (U,% +2Ko2o? * ) (84)

is the contribution of the direct-link channel estimation error.
Finally, we compute the NMSE for the LOS case. In this

scenario, let ¢/ = NMSEros. Assuming that the direct and

cascaded channels are independent, it can be expressed as

S — 2
B[ n?]

E[[lE 7]

_ MSE; + MSE; 1.0s 85)
E[|H|%] +E[llZanl%]
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