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Abstract

Time awareness is a fundamental ability of omni large lan-
guage models, especially for understanding long videos and
answering complex questions. Previous approaches mainly
target vision-language scenarios and focus on the explicit
temporal grounding questions, such as identifying when
a visual event occurs or determining what event happens
at a specific time. However, they often make insufficient
use of the audio modality, and overlook implicit tempo-
ral grounding across modalities—for example, identifying
what is visually present when a character speaks, or deter-
mining what is said when a visual event occurs—despite
such cross-modal temporal relations being prevalent in
real-world scenarios. In this paper, we propose Chronu-
sOmni, an omni large language model designed to enhance
temporal awareness for both explicit and implicit audiovi-
sual temporal grounding. First, we interleave text-based
timestamp tokens with visual and audio representations at
each time unit, enabling unified temporal modeling across
modalities. Second, to enforce correct temporal ordering
and strengthen fine-grained temporal reasoning, we incor-
porate reinforcement learning with specially designed re-
ward functions. Moreover, we construct ChronusAV, a
temporally-accurate, modality-complete, and cross-modal-
aligned dataset to support the training and evaluation on
audiovisual temporal grounding task. Experimental re-
sults demonstrate that ChronusOmni achieves state-of-the-
art performance on ChronusAV with more than 30% im-
provement and top results on most metrics upon other tem-
poral grounding benchmarks. This highlights the strong
temporal awareness of our model across modalities, while
preserving general video and audio understanding capa-
bilities. Code and dataset are available at https://
github.com/YJCX330/Chronus/.

1. Introduction
Video temporal grounding [18, 19, 55] aims to align video
semantics with temporal segments, serving as a critical
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Q:  What are the start and end time of the video 

segment corresponding to this visual information: 

<Scrambled eggs and small meat pieces are cooked 

in a white pan, stirred with a red spatula.> ?

A:  From 113.2 to 144.5 seconds.

Q:  Can you describe the audio information of the audio segment from 

113.2 to 144.5 seconds? 

A:  A man speaks, "We put a little sausage in there for flavor." This is 

accompanied by the sounds of food sizzling and being stirred.

Q:  Can you describe the visual information of the video segment 

corresponding to this audio information: <A man speaks, “We put a little 

sausage in there for flavor.” This is accompanied by the sounds of food 

sizzling and being stirred.> ?

A:  Scrambled eggs and small meat pieces are cooked in a white pan, 

stirred with a red spatula.

Video-to-Time

Audio-to-Video

Time-to-Audio

144.5 s113.2 s

Figure 1. Illustration of the audiovisual temporal grounding task.
Three primary elements Video, Audio and Time are connected
through six directional basic temporal grounding subtasks: Video-
to-Time, Time-to-Video, Audio-to-Time, Time-to-Audio, Video-
to-Audio, and Audio-to-Video.

capability for video understanding. Early studies in this
field [7, 18, 19, 23, 24, 43, 53, 54] primarily rely solely
on visual information to align video content with textual
descriptions. However, as in-the-wild videos increasingly
contain rich audio cues (dialogues, environmental sounds,
and background music), visual information alone is insuf-
ficient for precise grounding. This motivates a shift toward
audiovisual temporal grounding, which incorporates both
visual and auditory modalities to capture complementary
cues and improve time awareness in complex real-world
scenarios.

Temporal grounding serves as a prerequisite for sophis-
ticated multimodal reasoning. Consider a typical audio-
visual scenario (e.g., in a movie dialogue scene, the camera
first stays on Character A’s expression; off-screen, Charac-
ter B delivers the line “Let’s go now.” Then the shot cuts to
B, and B’s lip movements align with the dialogue.), where
the semantic meaning of an event can only be accurately
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understood when both visual and auditory cues are jointly
analyzed and temporally aligned. In such cases, it requires
model to understand not only the localization informa-
tion in video streams and the localization information
in audio streams (explicit temporal grounding), but also
the synchronization of audio-visual interactions (implicit
temporal grounding). However, most existing works focus
solely on explicit temporal grounding [18, 23, 24, 49, 63],
relying on either visual frames or audio features without
capturing temporal dependencies cross audio and video.
As a result, they struggle in complex real-world scenar-
ios where auditory and visual cues complement each other.
This limitation reveals a fundamental challenge for mul-
timodal temporal grounding: models must be capable of
jointly representing, aligning, and reasoning over tempo-
ral dynamics across both auditory and visual streams. To
address the above challenge, in this work, we improve the
audiovisual temporal grounding task in a systematic way.
First, we formally define the audiovisual temporal ground-
ing task and systematically analyze its core challenges. As
illustrated in Figure 1, a model with audiovisual temporal
grounding capability should support six directions of pre-
diction across time, video, and audio: video-to-time, time-
to-video, audio-to-time, time-to-audio, audio-to-video,
and video-to-audio. Among them, the first four directions
are explicit temporal grounding, while the last two direc-
tions constitute implicit temporal grounding. This requires
three essential abilities: (1) video content localization, (2)
audio content localization, and (3) synchronization mod-
eling of audio-visual interactions. Second, we design au-
diovisual temporal-synchronized representation, improving
multimodal joint temporal reasoning ability with temporal-
aware training strategy. Furthermore, we construct a com-
prehensive audiovisual dateset to support the training and
evaluation for audiovisual temporal understanding.

The main contributions can be summarized as follows.

• We propose ChronusOmni, an omni large language
model designed for the audiovisual temporal grounding
task. More specifically, we design an audiovisual tem-
poral interleaved representation that aligns visual, audio,
and temporal information effectively. We further design
the temporal-aware supervised finetuning and reinforce-
ment learning strategy upon the representation, showing
remarkable performance on both audiovisual joint tem-
poral understanding and unimodel understanding.

• We introduce ChronusAV, a temporally-accurate,
modality-complete, and cross-modal-aligned dataset to
support the training and evaluation on the audiovisual
temporal grounding task, covering six cross-modal
prediction directions among time, video, and audio.

• Experimental results show that ChronusOmni achieves
the best performance in all metrics over ChronusAV (with
more than 30% improvement) and most metrics over

other temporal grounding benchmarks, while preserving
its general video and audio understanding capabilities.
These results demonstrate the effectiveness of our pro-
posed temporal modeling method and training strategy.

2. Related Work
Temporal Grounding MLLMs. Traditional video tem-
poral grounding [55] aims to precisely align video se-
mantics with corresponding time, including various tasks
such as moment retrieval [4, 13, 22, 62], dense video cap-
tion [25, 60], and video highlight detection [57]. With
the development of video large language models (LLMs),
some recent works leverage the reasoning capabilities of
LLMs to enhance temporal grounding. Some models di-
rectly infer frame indices relying on their ability to rea-
son over frame order [23, 31], while others introduce ab-
solute timestamp encoding to strengthen temporal localiza-
tion [7, 18, 19, 41]. Beyond the video modality, several au-
diovisual LLMs [14, 17, 33, 48, 58, 59, 64] extend temporal
perception capabilities to audiovisual scenarios. Many use
learnable temporal positional embeddings [58, 59, 64] or
specially designed time encoders [33], which require sub-
stantial amounts of temporal training data to develop fine-
grained temporal sensitivity from scratch. ARC-Hunyuan-
Video [14] instead embeds a watermark representing abso-
lute time on each frame. It introduces additional complexity
because the model must perform OCR-like operations to re-
cover temporal information. To address these limitations,
we propose an audiovisual temporal-synchronized repre-
sentation. We encode time directly as a text modality and
interleave audio, visual, and time tokens along the timeline,
enabling explicit, fine-grained alignment across modalities.
With our temporal-aware training strategy, the model ac-
quires strong audiovisual temporal grounding ability using
only a relatively small amount of training data.
Temporal Grounding Datasets. Most existing temporal
grounding benchmarks [21, 26, 27, 46, 46, 65] rely on vi-
sual information solely, neglecting the audio modality en-
tirely. AVEL [51] and UnAV-100 [16] incorporate both au-
dio and video streams with coarse event-level labels without
detailed captions, limiting the model’s ability to understand
fine-grained audiovisual temporal details. LongVALE [17]
and TriSense-2M [33] offer more detailed temporal event
descriptions that combine information from both modali-
ties without separate audio and video captions. This en-
tanglement makes it difficult to analyze or assess a model’s
temporal understanding capability within and across each
modality independently. VUE-TR [49] provides separate
temporal annotations for video and audio streams, but its
audio annotations focus only on human speech, restricting
its applicability to more diverse audio-visual scenarios. Fur-
thermore, none of the existing temporal grounding bench-
marks evaluate implicit temporal perception across audio
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LLM

Time Token 1 Time Token 2

Time Token Visual Token Audio Token Text Token

Temporal Interleaved Tokenization

… …

Text Prompt

… …

… …

Time… …

Time Token 3

Q: Can you describe the visual information of the video segment corresponding to 

this audio information: <A man speaks, “We put a little sausage in there for 

flavor.” This is accompanied by the sounds of food sizzling and being stirred.> ?

Reinforcement    

Learning 

by GRPO

A: The video segment shows that scrambled eggs 

and small meat pieces are cooked in a white pan 

and stirred with a red spatula.

Figure 2. The architecture of ChronusOmni. Time, video, audio are tokenized and interleaved at each time step. The token sequence is
along with text prompt is input into an LLM, which is supervised finetuned and further enhanced by reinforcement learning.

and video modalities, such as grounding what is heard when
something is seen, or what is seen when something is heard.
To address these limitations, we introduce ChronusAV, a
temporally-accurate, modality-complete, and cross-modal-
aligned dataset that provides time aligned triplets of (times-
tamp, video segment caption, audio segment caption) for
each video. This design enables flexible construction of all
six multimodal temporal grounding subtasks (as shown in
Figure 1) and establishes a comprehensive foundation for
advancing multimodal temporal grounding research.

3. Task Definition: Audiovisual Temporal
Grounding

In this section, we formally define the audiovisual temporal
grounding task and its six subtasks accordingly. Suppose
we have a video v and its corresponding audio a, both with
a duration t. We denote a seqence of absolute timestamps
as t0, t1, t2, ..., tn, which divide the video into n temporal
segments: (t0, t1), (t1, t2), ..., (tn−1, tn). For each interval
(ti, ti+1), we extract a video clip vi and an audio clip ai.
The clip vi (and similarly ai) starts at ti and ends at ti+1.
Thus, we obtain n aligned tuples:

Di = {vi, ai, (ti, ti+1)}, (1)
where each tuple contains a video segment, an audio seg-
ment, and its corresponding timestamp.

Given a tuple Di, the audiovisual temporal grounding
task consists of querying one element to infer another. This
give rise to six subtasks, as illustrated in Figure 1.
• Video-to-Time (V2T). Given the information of the

video segment vi, the goal is to ground its correspond-
ing absolute time segment (ti, ti+1).

• Time-to-Video (T2V). Given the absolute time segment
(ti, ti+1), the objective is to obtain the information of the
associated video segment vi.

• Audio-to-Time (A2T). Given the information of the au-
dio segment ai, the goal is to ground its corresponding
absolute time segment (ti, ti+1).

• Time-to-Audio (T2A). Given the absolute time segment
(ti, ti+1), the objective is to obtain the information of the
associated audio segment ai.

• Video-to-Audio (V2A). Given the visual content of
vi, V2A aims to identify the content of the time-
synchronized audio segment ai.

• Audio-to-Video (A2V). Given the audio information of
ai, the goal is to identify the time-synchronized video
segment vi.

4. Proposed Method: ChronusOmni

To equip the model with fine-grained audiovisual time
awareness, we propose ChronusOmni, a unified framework
that achieves precise alignment across video, audio, and
time. Unlike prior MLLMs that process audio and video
largely in isolation, ChronusOmni organize tokens in an
interleaved manner to explicitly model cross-modal tem-
poral dependencies. In addition, we design a two-stage,
coarse-to-fine temporal optimization strategy to strengthen
the model’s temporal reasoning ability, resulting in robust
performance on multimodal temporal grounding tasks.

4.1. Audiovisual Temporal Representation
To improve cross-modal synchronization and achieve fine-
grained alignment of audiovisual information and abso-
lute time, we propose a temporal interleaved tokenization
method, explicitly aligning the three elements–video, au-
dio, and time along the timeline, as depicted in Figure 2.

For visual input, we uniformly sample a fixed num-
ber of video frames. A visual encoder and audio en-
coders are used to transform the video frames and audio

3



into modality-specific tokens. Because the time intervals
between frames are not fixed, explicit timestamps are es-
sential for conveying absolute temporal information to the
model. For each sampled frame, we extract its correspond-
ing time point and convert it into text following the fixed
format second{t} in [7]. For example, for a 126-second
video sampled at 2-second intervals, we collect 64 times-
tamps: “second{0.0}”, “second{2.0}”, “second{4.0}”, ...,
“second{126.0}”. These timestamps are encoded directly
into text tokens, making them fully interpretable by the
LLM. In contrast to methods that rely on learnable tempo-
ral embeddings, our explicit textual timestamps do not re-
quire aligning a learned embedding space with the language
space, resulting in better adaptability, easy extensibility, and
more stable temporal grounding performance.

Before feeding the tokens into the LLM, we interleave
the token sequences from these three elements to achieve
fine-grained temporal alignment. The interleaved tokens
can be represented as:

I = [T1, V1, A1, T2, V2, A2, ..., Ti, Vi, Ai, ...], (2)

where Ti is the absolute timestamp tokens corresponding
to the specific time point ti, Vi is the tokens encoded from
the frame at ti, and Ai is the tokens encoded from the au-
dio between ti and ti+1. By using interleaved tokens, the
model can establish a fine-grained connection among abso-
lute time, visual information, and audio information.

4.2. Audiovisual Temporal Optimization

To enable the model to gradually acquire and robustly ex-
ploit temporal information, we further design a coarse-to-
fine training strategy, including temporal-aware finetuning
and temporal-aware reinforcement learning.

Stage 1: Temporal-aware Supervised Finetuning. In
the first stage, we optimize the ChronusOmni via supervised
fine-tuning (SFT). The model is trained on the video and au-
dio dense captioning task, where for each video-audio pair
input, the model learns to localize events and output times-
tamps, visual caption and audio caption for each event.

This training objective, together with our temporal-
synchronized representation introduced in Section 4.1,
guides the model to understand the alignment relationships
among video, audio, and time.

However, SFT alone presents inherent limitations for
temporal grounding [54]. First, although time is a contin-
uous variable, SFT treats it as a categorical label, ignoring
the metric structure—i.e., the magnitude and distance be-
tween time points. Second, as SFT exposes the model to
gold prefixes throughout training, the model tends to rely on
pattern memorization rather than learning to precisely local-
ize boundaries. Consequently, SFT struggles to establish a
robust mapping between audiovisual features and accurate
temporal intervals.

Stage 2: Reinforcement Learning with GRPO. To
overcome the limitations of SFT, we employ reinforcement
learning in the second stage. Specifically, we adopt Group
Relative Policy Optimization (GRPO) [10, 45] to train the
model on the audiovisual temporal grounding task directly.
This paradigm replaces the restrictive maximum likelihood
objective with task-specific, outcome-driven reward func-
tions, enabling the model to explore better strategies for
aligning and integrating detailed audiovisual information
with temporal boundaries.

For moment retrieval subtasks (V2T, A2T), the model
outputs a temporal interval. We adopt the Intersection over
Union (IoU) between the predicted interval and the ground-
truth interval as the reward function:

RIoU =
|Ipred ∩ Igt|
|Ipred ∪ Igt|

, (3)

where Ipred is the predicted time interval, and Igt is the
ground-truth interval. To encourage consistent formatting
that aligns with our timestamp design (Section 4.1), we also
introduce a format reward enforcing outputs in the form
“second{start}-second{end}”:

Rformat =

{
0, if output format is wrong,
1, if output format is correct.

(4)

For subtasks requiring the model to output a video or
audio caption (T2A, V2A, T2V, A2V), we use Meteor [3] as
the reward, which is a commonly used metric for evaluating
video caption quality [1, 66]:

RMeteor = Meteor(Cpred, Cgt), (5)

where Cpred and Cgt is the predicted and ground-truth cap-
tion respectively.

This coarse-to-fine strategy effectively mitigates the dis-
cretization and exposure-bias issues of SFT by incorporat-
ing reward-based temporal supervision. As a result, the
model achieves more accurate boundary localization and
stronger audiovisual alignment, yielding substantially im-
proved multimodal temporal grounding performance.

5. ChronusAV: Multimodal Dataset for Audio-
visual Temporal Grounding

As discussed in Section 2, to bridge the gap of miss-
ing audiovisual temporal grounding datasets, we construct
ChronusAV. ChronusAV is a large-scale dataset tailored for
the audiovisual temporal grounding task, containing sepa-
rate, detailed captions for audio (including sound, speech,
and music) and visual information with precise temporal
boundaries.

5.1. Construction of ChronusAV
To construct a temporally-accurate, modality-complete, and
cross-modal-aligned dataset, we design a systematic dataset
construction pipeline:
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News & Politics
21.5 %

How to & Style
17.6 %

Sports
9.1 %

People & Blogs
8.6 %

Entertainment
7.9 %

Gaming
6.5 %

Science & Technology
6.1 %

Education
5.4 %

Film & Animation
5.3 %

Autos & Vehicles
5.1 %

Others
6.9 %

Comedy
Pets & Animals
Travel & Events

Music
Nonprofits & Activism

(a) Videos category distribution (b) Videos duration distribution (seconds)
(c) The duration distribution of the video or audio segments 
corresponding to the QA in the test set (seconds)

Figure 3. Statistics of ChronusAV.

Table 1. Comparison of ChronusAV to existing related datasets. ChronusAV covers large-scale open-domain long videos and, among the
listed benchmarks, is the only dataset that simultaneously provides precise timestamps, multimodal annotations across vision, sound/music,
and speech, as well as separate captions for audio and video. A&V: audio and video.

Benchmark Videos Avg. video len Annotations Domain Timestamps Vision Sound&Music Speech A&V seperate captions

Charades-STA[46] 10K 30s 16K daily activity ✓ ✓ ✗ ✗ -
ActivityNet Caps[26] 20K 180s 72K daily activity ✓ ✓ ✗ ✗ -
VALOR [35] 1.18M 10s 1.18M open ✗ ✓ ✓ ✗ ✗
VAST [6] 27M 30s 27M open ✗ ✓ ✓ ✓ ✗
AVEL [50] 4K 10s 4K open ✓ ✓ ✓ ✗ ✗
UnAV-100 [15] 30K 42.1s 84K open ✓ ✓ ✓ ✗ ✗
Shot2Story [20] 43K 17.1s 181K open ✓ ✓ ✗ ✓ ✓
VUE-TR [49] 428 907s 1598 open ✓ ✓ ✗ ✓ ✓
LongVALE [17] 8.4K 235s 108K open ✓ ✓ ✓ ✓ ✗

ChronusAV 47K 226s 677K open ✓ ✓ ✓ ✓ ✓

• Video collection. To construct a real-world, open-domain
dataset, we select English videos from the large-scale,
high-resolution Panda-70M dataset [8]. To cover videos
of varying durations and reflect real-world temporal com-
plexity, we select untrimmed long videos with audio
tracks and restrict durations to 60–600 seconds, ensuring
sufficient context for multimodal analysis.

• Video segmentation. To obtain precise event times-
tamps, we segment long, untrimmed videos into mean-
ingful and coherent event units. Following Panda-70M,
we first split basic visual scenes and then merge semanti-
cally similar ones, ensuring that each final segment repre-
sents a complete and coherent event. The corresponding
audio tracks are segmented using the same timestamps to
maintain audio–visual alignment. Finally, we retain only
those audio–video pairs with 5 to 30 segments, ensuring
that each sample contains rich temporal dynamics without
being excessively fragmented.

• Modality-specific annotation. For each segment, we
produce fine-grained, modality-aware captions by sepa-
rately describing the visual and auditory streams. We
use Gemini-2.5-Flash and Gemini-2.5-Pro [9] to annotate
video and audio, respectively.

• Human verification. To ensure quality and modality sep-
aration of LLM-generated captions, we conduct a human
study on 1,000 randomly sampled segments. Annota-
tors rate accuracy and cross-modal leakage while view-
ing the corresponding video and audio. Results show that

video captions are mostly accurate in 96.1% of cases; au-
dio captions in 93.5%. And modality disentanglement is
strong: 99.3% of video captions and 97.5% of audio cap-
tions show no or only minor cross-modal leakage. This
high level of quality assurance validates the reliability of
our automatically generated annotations for large-scale
audiovisual temporal grounding training and evaluation.

• Training set and benchmark construction. Ultimately,
we annotate 677K segments from 47K untrimmed videos.
Each annotation is a (timestamp, video caption, audio
caption) triplet, supporting all subtasks of audiovisual
temporal grounding. We hold out 2,000 videos with cor-
responding audio to construct the test set and use the re-
maining 45K for training. For the test set, we randomly
select one segment per video and generate six QA pairs
covering the six subtasks, as shown in Figure 1, yield-
ing 12K QA pairs. All test QAs are human-verified and
refined to ensure accurate, unique answers.

As a result, we get the ChronusAV, a temporally-accurate,
modality-complete, and cross-modal-aligned dataset for au-
diovisual temporal grounding.

5.2. Analysis of ChronusAV

As described in Section 5.1, we construct the ChronusAV to
enable the model training and a comprehensive evaluation
of audiovisual temporal grounding. In this section, we pro-
vide an overview of the dataset and highlight the key charac-
teristics that distinguish ChronusAV from existing temporal
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grounding datasets, which is also showed in Table 1.
• Large-scale and long-duration videos. ChronusAV

contains 47K multi-shot videos totaling 2,922 hours, with
an average duration of 226 seconds.As shown in Figure 3
(b), the videos range from 60 to 600 seconds, substan-
tially longer than most prior benchmarks (e.g., Activi-
tyNet Caps 180s, UnAV-100 42.1s). This long-form de-
sign provides rich temporal context and enables robust
modeling of long-term event dependencies.

• Diverse and open-domain coverage. As shown in Fig-
ure 3 (a), ChronusAV spans 15 real-world domains, cov-
ering a wide spectrum of scenarios. This domain diver-
sity ensures that ChronusAV aligns with the distributions
of natural audiovisual content and supports strong gener-
alization across contexts.

• Fine-grained temporal annotations. ChronusAV pro-
vides precise timestamps, which are essential for tempo-
ral grounding tasks. In contrast, large-scale datasets like
VALOR and VAST do not provide temporal boundaries,
limiting their suitability for fine-grained temporal align-
ment or localization. In the test set, QA-related segments
peak at 3–6 seconds, as shown in Figure 3 (c), reflecting
the benchmark’s higher demands on a model’s ability to
capture subtle temporal cues across modalities.

• Modality completeness. ChronusAV is one of the
few datasets that simultaneously provide visual con-
tent and comprehensive audio cues (speech, mu-
sic, and sound). Many existing datasets are audio-
incomplete—e.g., Charades-STA and ActivityNet Caps
provide no audio annotation; VALOR and AVEL lack
speech; Shot2Story and VUE-TR lack music and sound.

• Separate audio and video captions. ChronusAV in-
cludes modality-separated audio and video captions, en-
abling detailed and disentangled multimodal understand-
ing. Most existing datasets (including LongVALE) do
not offer this feature. Although Shot2Story and VUE-TR
provide separate captions, their annotations lack sound-
event descriptions, limiting their ability to capture real-
world auditory complexity.
These features makes ChronusAV can serve as a solid

foundation for training and assessing our model. More
statistics and cases can be found in Appendix.

6. Experimental Settings
6.1. Implementation Details
We adopt multimodal LLM Ola [37] as our backbone,
which is built upon Qwen-2.5-7B [61]. For visual process-
ing, we use OryxViT [36] as the vision encoder and uni-
formly sample 64 frames from each input video. On the au-
dio side, we employ Whisper-Large-V3 [42] as the speech
encoder and BEATs [5]as the sound and music encoder. To
achieve a comprehensive representation of the audio con-

tent, the embedding features from Whisper-Large-V3 and
BEATs are concatenated across the channel dimension. The
resulting audio features are then downsampled by a factor of
10 to reduce token length while preserving semantic infor-
mation. Finally, both visual and audio features are projected
through two-layer multi-layer perceptron adapters, which
transform them into unified tokens for the LLM decoder.

6.2. Training Settings
We initialize ChronusOmni with the pretrained Ola model
and only finetune the LLM parameters, keeping all encoders
and adapters frozen throughout training.
• SFT stage. In this stage, we train on a mixture of

How2 [44], AVSD [2], and ChronusAV datasets. We ran-
domly sample 10K clips of How2-300h and train on the
AVSR task. For AVSD, we split each dialogue into turn-
level QA in every dialogue, randomly sample 30K QA
pairs, and train on the AVQA task. For ChronusAV, we
randomly sample 30K videos from the training set and
train on the dense video and audio caption task. We train
on all 70k samples for 1 epoch.

• GRPO stage. We construct the GRPO data using the
ChronusAV training set. For each untrimmed video, we
randomly select one segment and form a QA pair corre-
sponding to one of the six subtasks using the segment’s
timestamp and captions. In this stage, we ultimately use
4000 pairs of QA data to train for 1000 steps.

6.3. Evaluation Settings
We evaluate ChronusOmni across a broad set of tasks and
datasets to assess both its fine-grained temporal grounding
ability and general audiovisual understanding.
• ChronusAV. We comprehensively assess ChronusOmni’s

temporal grounding performance using ChronusAV
benchmark, and compare it with previous audiovisual
LLMs. For V2T and A2T subtasks, we follow the evalua-
tion metrics for the moment retrieval task used in previous
works [18, 43], reporting Recall@1 at IoU thresholds of
0.5,0.7. For another four subtasks, we use BLEU-4 [40],
ROGUE-L [34], METEOR [3], and CIDEr [52] for stan-
dard caption quality evaluation.

• LongVALE. LongVALE [17] comprises three omni tem-
poral tasks: Omni-TVG (predict the time segment corre-
sponding to an omni event caption), Omni-DVC (predict
timestamps and captions of all omni events), and Omni-
SC (generate the omni caption for a specified time seg-
ment). We evaluate ChronusOmni on the LongVALE test
set in a zero-shot setting.

• Charades-STA and ActivityNet. Charades-STA [46]
and ActivityNet [26] are widely used video temporal
grounding datasets. Because some of our training data
(e.g., AVSD) contains Charades-STA videos, a fair zero-
shot evaluation on Charades-STA is infeasible; thus, we
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Table 2. Comparison with existing video-audio LLMs for multimodal temporal grounding task on ChronusAV benchmark. B: BLEU-4. R:
ROUGE-L. M: METEOR. C: CIDEr. For Qwen3-Omni we use Qwen3-Omni-30B-A3B, while other models are all of size 7B.

Model V2T T2V A2T T2A V2A A2V

R@0.5 R@0.7 B R M C R@0.5 R@0.7 B R M C B R M C B R M C

VideoLLaMA [64] 2.00 0.80 0.10 1.50 0.93 0.03 1.70 0.80 0.05 1.13 0.63 0.06 0.08 1.11 0.81 0.06 0.07 1.22 0.93 0.00
Ola [37] 5.80 2.65 0.26 1.66 0.99 0.47 5.50 2.55 0.18 0.78 0.31 0.26 0.15 1.15 0.53 0.45 0.18 1.60 1.08 0.40
AVicuna [48] 10.75 4.70 0.04 1.03 0.32 0.12 8.20 3.45 0.01 0.51 0.13 0.02 0.02 0.54 0.23 0.10 0.11 1.45 0.65 0.38
LongVALE-LLM [17] 9.50 3.65 0.35 2.03 0.99 1.38 4.25 1.25 0.15 1.31 0.50 0.19 0.10 1.26 0.64 0.24 0.21 1.88 1.02 0.87
Qwen2.5-Omni [58] 7.05 3.00 0.35 1.89 1.02 0.79 10.10 3.70 0.67 1.01 0.64 0.26 0.54 0.91 0.61 0.30 0.19 1.61 0.97 0.58
ARC-Hunyuan-Video [14] 36.10 23.15 0.24 1.54 1.11 0.46 36.85 24.25 0.18 1.17 0.65 0.37 0.12 0.94 0.70 0.10 0.11 1.12 0.91 0.11
Qwen3-Omni [59] 37.85 21.80 0.37 2.13 1.62 0.92 46.70 33.10 0.94 2.26 1.20 2.18 0.35 1.58 1.25 0.74 0.22 1.72 1.49 0.39

ChronusOmni 63.15 45.95 1.16 3.37 2.12 5.07 90.50 79.85 6.78 6.86 4.50 34.30 3.61 4.90 3.27 13.60 1.01 3.17 2.12 3.03

Table 3. Comparison on LongVALE benchmark. “*” indicates that the model has been trained on the LongVALE training set.

Model Omni-TVG Omni-DVC Omni-SC

R@0.3 R@0.5 R@0.7 mIoU SODA c CIDEr METEOR BLUE-4 ROUGE-L CIDEr METEOR

VideoChat [30] 2.2 0.9 0.4 3.0 0.7 0.2 0.9 0.5 9.6 0.0 8.2
VideoChatGPT [38] 4.9 2.0 0.9 5.0 0.7 0.1 0.9 0.4 14.0 0.9 5.9
VideoLLaMA [64] 2.5 1.1 0.3 1.9 0.6 0.6 0.9 0.9 11.5 0.1 8.9
PandaGPT [47] 2.5 1.0 0.3 2.2 0.5 0.0 0.6 0.6 14.9 0.3 8.9
NExT-GPT [56] 4.3 1.9 0.7 4.0 0.2 0.1 0.3 0.4 10.2 0.0 8.1
TimeChat [43] 5.8 2.6 1.1 5.2 1.6 0.1 1.4 1.2 16.1 1.6 10.0
VTimeLLM [23] 7.5 3.4 1.3 6.4 2.4 0.2 2.0 1.0 14.5 1.6 5.5
TriSense [33] 14.8 9.3 4.7 11.2 - - - 4.8 21.9 18.8 10.4
LongVALE-LLM* [17] 15.7 8.6 3.9 11.0 2.8 7.9 4.7 5.6 22.4 20.3 10.9

ChronusOmni 49.7 32.5 17.6 34.5 3.7 5.6 5.2 5.5 22.0 20.3 11.7

fine-tune for 1 epoch on Charades-STA using GRPO and
report results under fine-tuning. For ActivityNet, we eval-
uate zero-shot on the test set. To enable fair comparison
with prior VLMs, we use video-only inputs (no audio) for
both datasets during training and testing.

• General video and audio understanding benchmarks.
To evaluate whether our temporal modeling affects
general audiovisual reasoning, we conduct zero-shot
evaluations on four widely used benchmarks: Video-
MME [11], Librispeech [39], VisSpeech [12], and
MUSIC-AVQA [28]. Video-MME is vision-only, Lib-
rispeech is audio-only, while VisSpeech and MUSIC-
AVQA utilize both visual and audio modalities.

7. Experimental Results

7.1. Results on Audiovisual Temporal Grounding
Performance on ChronusAV. We compare Chronu-
sOmni with other omni LLMs on ChronusAV benchmark.
As shown in Table 2, ChronusOmni consistently outper-
forms existing audiovisual LLMs across all subtasks by
more than 30%. In V2T subtask, ChronusOmni reaches
R@0.5/0.7 of 63.15/45.95, yielding 67%/98% gains over
the next best model. In A2T subtask, the R@0.5/R@0.7
achieves 90.50/79.85, yielding 94%/142% improvements.
For the remaining four subtasks, ChronusOmni delivers
multiplicative gains across most captioning metrics, with
particularly large magins on CIDEr, demonstrating stronger
temporal audiovisual alignment. ChronusOmni also sig-
nificantly outperforms recent omni-modal models such as
ARC-Hunyuan-Video [14] and Qwen3-Omni [59], espe-

Table 4. Comparison with VLMs capable of temporal ground-
ing on Charades-STA and ActivityNet. FT: fine-tuned setting; ZS:
zero-shot setting. “*” indicates that this model is smaller in size
than ChronusOmni, while the sizes of the other models are all 7B.

Model Charades-STA (FT) ActivityNet (ZS)

R@0.3 R@0.5 R@0.7 R@0.3 R@0.5 R@0.7

TimeChat [43] - 46.7 23.7 36.2 20.2 9.5
Hawkeye [53] 72.5 58.3 28.8 49.1 29.3 10.7
VTimeLLM [23] - - - 44.0 27.8 14.3
VTG-LLM [19] - 57.8 33.9 - - -
TRACE [18] - 61.7 41.4 - - -
TimeSuite [63] 79.4 67.1 43.0 - - -
iMOVE* [29] 79.8 68.5 45.3 42.4 23.1 12.1
VideoChat-R1 [32] - 71.7 50.2 - 33.4 17.7
Time-R1[54] 82.9 72.2 50.1 58.6 39.0 21.4
ChronusOmni 85.1 75.0 54.2 56.9 38.2 22.1

cially on audio-related subtasks, highlighting the limita-
tions of prior models in handling complex auditory tempo-
ral cues. Notably, many baselines use more densely sam-
pled video frames (e.g., 100 in LongVALE-LLM, 150 in
ARC-Hunyuan-Video, 2 fps in Qwen3-Omni), yet Chronu-
sOmni—using 64 frames—achieves superior temporal un-
derstanding, indicating both higher accuracy and greater ef-
ficiency.

Performance on LongVALE. Table 3 shows Chronu-
sOmni’s performance on LongVALE benchmark. As shown
in the table, ChronusOmni delivers state-of-the-art perfor-
mance on most evaluation metrics, while achieving the
second-best results on the rest. In the Omni-TVG task, it
achieves an mIoU of 34.5, nearly three times higher than the
next best models—TriSense (11.2) and LongVALE-LLM
(11.0)—demonstrating markedly stronger temporal local-
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Table 5. Ablation study on our temporal interleaved tokenization method and training strategy. TIT: temporal interleaved tokenization.

Model V2T T2V A2T T2A V2A A2V

R@0.5 R@0.7 B R M C R@0.5 R@0.7 B R M C B R M C B R M C

w/o TIT 16.05 6.80 0.64 2.51 1.67 1.76 26.05 13.00 2.43 3.29 2.99 2.94 2.56 3.74 2.75 4.17 0.67 2.58 1.79 1.51
w/o SFT 59.40 37.20 0.53 2.39 1.81 0.69 84.45 69.25 2.45 3.29 1.89 6.91 2.12 3.15 1.96 5.32 0.49 2.34 1.84 0.43
w/o GRPO 30.00 15.45 0.46 2.53 1.07 2.37 34.55 19.00 0.04 1.48 0.35 1.85 0.54 1.40 0.73 1.24 0.12 1.81 0.66 0.76

ChronusOmni 63.15 45.95 1.16 3.37 2.12 5.07 90.50 79.85 6.78 6.86 4.50 34.30 3.61 4.90 3.27 13.60 1.01 3.17 2.12 3.03

ization ability. For Omni-DVC, ChronusOmni obtains the
highest SODA c (3.7) and METEOR (5.2), and ranks sec-
ond in CIDEr (5.6), behind only LongVALE-LLM, which
is specifically trained on the LongVALE training set. In
Omni-SC, ChronusOmni achieves the best METEOR (11.7)
and ties for the best CIDEr (20.3), while its BLEU-4 (5.5)
and ROUGE-L (22.0) remain within negligible margins (0.1
and 0.4) of the leading scores.

7.2. Results on Visual-only Temporal Grounding

Besides audiovisual temporal grounding, we also evalu-
ate ChronusOmni on visual-only temporal grounding. As
shown in Table 4, ChronusOmni achieves state-of-the-
art performance on Charades-STA (fine-tuned), obtaining
85.1/75.0/54.2 R@0.3/0.5/0.7. These results outperform
the next best models by +2.2 (vs. Time-R1 at R@0.3), +2.8
(vs. Time-R1 at R@0.5), and +4.0 (vs. VideoChat-R1 at
R@0.7). On ActivityNet (zero-shot), ChronusOmni ranks
second at R@0.3 (56.9) and R@0.5 (38.2), only slightly
behind Time-R1 by 1.7 and 0.8, respectively. It achieves
the best R@0.7 (22.1), surpassing Time-R1 by +0.7, indi-
cating stronger high-precision temporal localization under
zero-shot transfer. Overall, ChronusOmni consistently out-
performs or matches strong baselines on visual-only tempo-
ral grounding benchmarks, demonstrating robust and gener-
alizable temporal understanding capabilities.

7.3. Results on General Video and Audio Under-
standing

We further evaluate whether audiovisual temporal-aware
design affects the model’s general multimodal reasoning
ability. Figure 4 compares ChronusOmni with the base
model across four standard video and audio understand-
ing benchmarks. ChronusOmni matches the base model
on general video QA (Video-MME) and shows only a mi-
nor degradation on pure speech recognition (LibriSpeech).
In contrast, it yields substantial improvements on visual
speech recognition (VisSpeech: 9.1 vs. 12.3 WER, a 26%
reduction) and audio-visual reasoning (MUSIC-AVQA:
+3.8 over the base model). It indicates that our tempo-
ral interleaved tokenization and temporal optimization do
not impair general modality-specific abilities. Instead, they
enhance the model’s ability to perform joint audio–visual
reasoning, demonstrating stronger multimodal integration
without sacrificing overall understanding quality.

Figure 4. Evaluation on general video and audio understanding
benchmarks. The evaluation metric for Video-MME and MUSIC-
AVQA is Accuracy, with higher values being better. The eval-
uation metric for Librispeech and Visspeech is Word Error Rate
(WER), with lower values being better. The “Base” is Ola.

7.4. Ablation Study
Table 5 shows the ablation results of our temporal inter-
leaved tokenization method and training strategy. Remov-
ing temporal interleaved tokenization leads to severe degra-
dation in moment retrieval: V2T R@0.7 drops from 45.95
to 6.80 and A2T R@0.7 from 79.85 to 13.00, highlighting
its essential role in absolute time perception. SFT is cru-
cial for caption quality: T2V CIDEr rises from 0.69 (w/o
SFT) to 5.07, and T2A from 6.91 to 34.30. GRPO provides
the largest single gains in video-audio alignment: removing
it reduces all V2A and A2V metrics by over 3 times. With
all components enabled, ChronusOmni achieves the best re-
sults across all six directions and all metrics, confirming that
all three components are complementary and jointly neces-
sary for strong audiovisual multimodal temporal grounding.

8. Conclusion
In this paper, we formally define audiovisual temporal
grounding task and present ChronusOmni, a multimodal
LLM tailored for this task. Our approach builds a tem-
porally synchronized audio–visual representation and
trains the model with temporal-aware supervised training
and reinforcement learning to strengthen fine-grained
temporal understanding. We also release ChronusAV, a
comprehensive and standardized dataset for training and
evaluation of audiovisual temporal grounding. Across
ChronusAV and widely used public datasets, Chronu-
sOmni sets a new state of the art, while maintaining robust
video and audio understanding capabilities. These results
demonstrate the effectiveness of our explicit cross-modal
temporal alignment method and training strategy. Future
work will focus on deploying our model in real-world
interactive scenarios and scaling it to hour-long videos.
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Supplementary Material

9. Additional Details of ChronusAV Dataset
9.1. Additional Details of ChronusAV Construction
Our dataset construction pipeline includes video collection,
video segmentation, modality-specific annotation, human
verification, and training set and benchmark construction,
as introduced in Section 5.1. In this section, we provide
further implementation details specifically focusing on the
modality-specific annotation details and the rigorous human
verification process employed to ensure data quality.
• Details of modality-specific annotation. As introduced

in Section 5.1, we use Gemini-2.5-Flash and Gemini-2.5-
Pro to annotate video and audio segment caption, respec-
tively.
In video segment caption annotation, our prompt is: “The
user will input a video. Please provide a brief description
of the main visual content of the video. Avoid specific
timestamps and keep the content concise. Avoid using
indicative phrases like ‘in the video’ and directly output
the visual information.” For video segments that are 16
seconds or shorter, we sample frames at 1 fps; for video
segments longer than 16 seconds, we uniformly sample
16 frames. We then input the sampled video frames along
with the prompt into Gemini-2.5-Flash to obtain the out-
put caption for each video segment.
In audio segment caption annotation, our prompt is: “The
user will input a audio. Briefly describe the audio infor-
mation, including the original text of the speech, audio
events, etc. Avoid using indicative phrases like ‘in the au-
dio’ and directly output the audio information. Do not in-
terpret the meaning of the speech expressed in the audio;
just record what you hear concisely. For audio events,
only output those that you are very certain about, and
disregard any uncertain sounds. Record speech and au-
dio events in order, but avoid specific timestamps. ##For
example: A train whistle blows followed by a charac-
ter speaking in a crisp voice, ‘Hello, my name is John.
I would like to help you learn the numbers.’ This is
all accompanied by the sound of a train moving on its
tracks.” We input the audio segment with this audio cap-
tion prompt into Gemini-2.5-Pro to obtain the output cap-
tion for each audio segment.

• Details of human verification. To ensure quality of
LLM-generated captions, we conduct a human study, as
introduced in Section 5.1. Three professional annotators
are recruited to evaluate the annotations. They are pre-
sented with the sampled 1000 video and audio segments
and asked to assess the generated captions based on two
distinct criteria: Semantic Accuracy and Modality Inde-

Figure 5. Distribution of visual segment caption length (words).

Figure 6. Distribution of audio segment caption length (words).

pendence.
For Semantic Accuracy, we utilize a 3-point Likert scale:
(1) Accurate: The caption perfectly describes the vi-
sual/audio content; (2) Acceptable: The caption is gen-
erally correct but misses minor details or contains slight
hallucinations; (3) Inaccurate: The caption is missing im-
portant details or contains significant hallucinations.
For Modality Independence (Cross-modal Leakage), an-
notators checked for information leakage between modal-
ities (e.g., visual captions describing auditory events like
“loud explosion”). This was rated as: (1) No Leakage, (2)
Minor Leakage, or (3) Severe Leakage.
To ensure consistency, we calculate the Fleiss’ Kappa
score among annotators, yielding κ = 0.82, indicating
high inter-annotator agreement. Final labels are deter-
mined by majority voting.
Results show that video captions are mostly accurate
(rated as Accurate or Acceptable) in 96.1% of cases, and
audio captions are mostly accurate in 93.5%. Further-
more, 99.3% of video captions and 97.5% of audio cap-
tions show no or only minor cross-modal leakage. This
high level of quality assurance validates the reliability of
our automatically generated annotations for large-scale
audiovisual temporal grounding training and evaluation.
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# Segment 1
Timestamp: ["0:00:00.0", "0:00:02.9"]
Visual segment caption: The Universal Pictures logo appears with a globe and starfield background, followed by the MRC logo in 
blue text within a glowing rectangular frame against a black screen. The screen then turns completely black.
Audio segment caption:  A low, resonant boom is followed by a gentle piano melody.

# Segment 2
Timestamp: ["0:00:02.9", "0:00:06.0"]
Visual segment caption: A view across dark blue ocean water towards a distant rugged coastline featuring cliffs, green hills, and a 
sandy beach.
Audio segment caption: A character speaks in a soft, slightly trembling voice, "I was eight years old when my mother died," 
accompanied by soft, somber music.

……
# Segment 11

Timestamp: ["0:01:34.6", "0:01:45.4"]
Visual segment caption: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several 
individuals, including men and women, react with expressions of fear and surprise to the imposing figure.
Audio segment caption: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice 
whispers, "He's here," as the dramatic music swells.

# Segment 12
Timestamp: ["0:01:45.4", "0:02:17.2"]
Visual segment caption: A sprawling, multi-tiered city atop a mountain, grand futuristic architecture, and large-scale mechanical 
structures. Scenes of intense action, explosions, and destruction are interspersed with close-ups of characters displaying fear,
determination, and concern. Landscapes transition from cloudy skies to fiery, volcanic terrains and barren expanses.
Audio segment caption: Dramatic, orchestral music plays. A male voice says, "In the great game of survival, this is checkmate." 
Another male voice says, "I knew you wouldn't leave me." A female voice responds, "Shut up and run." A male voice asks, "You sure 
you want to do this?" A female voice replies, "I have to. For my mother." A different female voice says, "You look at her and all you 
see are the jagged edges. But she is something quite different." A male voice adds, "She is beautiful and strange." The second female 
voice concludes, "And very, very rare."

# Segment 13
Timestamp: ["0:02:17.3", "0:02:36.1"]
Visual segment caption: Movie title card followed by film credits, concluding with a split black and white screen with text 
encouraging subscriptions and suggesting another video.
Audio segment caption: Dramatic and suspenseful orchestral music.

# V2T
Question: What are the start and end time of the video segment corresponding to this visual information: < A large, shadowy figure with 
glowing green eyes and hands appears, creating a menacing presence. Several individuals, including men and women, react with 
expressions of fear and surprise to the imposing figure. > ?
Answer: From 94.6 seconds to 105.4 seconds.

# T2V
Question: Can you describe the visual information of the video segment from 94.6 to 105.4 seconds ?
Answer: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including 
men and women, react with expressions of fear and surprise to the imposing figure.

# A2T
Question: What are the start and end time of the audio segment corresponding to this audio information: < Intense, dramatic music with 
metallic clanging sounds is followed by a monstrous roar. A female voice whispers, "He's here," as the dramatic music swells. > ?
Answer: From 94.6 seconds to 105.4 seconds.

# T2A
Question: Can you describe the audio information of the audio segment from 94.6 to 105.4 seconds ? 
Answer: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as 
the dramatic music swells.

# V2A
Question: Can you describe the audio information of the audio segment corresponding to this visual information: < A large, shadowy figure 
with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including men and women, react with 
expressions of fear and surprise to the imposing figure. > ?
Answer: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as 
the dramatic music swells.

# A2V
Question: Can you describe the visual information of the video segment corresponding to this audio information: < Intense, dramatic music 
with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as the dramatic music swells. > ?
Answer: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including 
men and women, react with expressions of fear and surprise to the imposing figure.

Figure 7. Timestamps, visual captions and audio captions of a 157-second video with corresponding audio in ChronusAV.

9.2. Additional Analyses of ChronusAV Dataset

Figures 5 and Figures 6 illustrate the distribution of caption
lengths (in words) for visual and audio segments, respec-
tively. As shown in Figure 5, the visual segment captions
exhibit a unimodal, quasi-normal distribution. The vast ma-
jority of visual captions fall within the range of 15 to 40
words, with a distinct peak in the [20, 25) interval. The
distribution tails off smoothly, with negligible instances of
captions exceeding 80 words, suggesting a high degree of
consistency in the length of visual descriptions. Figure 6
show that the audio segment caption length peaks in the
[10, 20) interval, and exhibits a clear long-tail distribution.
The long-tail distribution is due to the fact that some audio
segments contains rich speech information and the detailed
speech transcriptions significantly increase the length of the

audio captions. The average length of visual segment cap-
tions is 29.6 words, while the average length of audio seg-
ment captions is 50.6 words, indicating that our captions are
quite detailed.

A case showing the annotations of a 157-second video in
ChronusAV, is presented in Figures 7. For each untrimmed
video with corresponding audio, we annotate the times-
tamps, visual segment captions and audio segment captions.
Each (timestamp, visual segment caption, audio segment
caption) tuple can be used to construct 6 types of QA in
the audiovisual temporal grounding task. For example, we
can use the timestamp, visual segment caption, audio seg-
ment caption of segment 11 in Figures 7 to construct 6 types
of question-answer pairs, as shown in Figures 8.
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# Segment 1
Timestamp: ["0:00:00.0", "0:00:02.9"]
Visual segment caption: The Universal Pictures logo appears with a globe and starfield background, followed by the MRC logo in 
blue text within a glowing rectangular frame against a black screen. The screen then turns completely black.
Audio segment caption:  A low, resonant boom is followed by a gentle piano melody.

# Segment 2
Timestamp: ["0:00:02.9", "0:00:06.0"]
Visual segment caption: A view across dark blue ocean water towards a distant rugged coastline featuring cliffs, green hills, and a 
sandy beach.
Audio segment caption: A character speaks in a soft, slightly trembling voice, "I was eight years old when my mother died," 
accompanied by soft, somber music.

……
# Segment 11

Timestamp: ["0:01:34.6", "0:01:45.4"]
Visual segment caption: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several 
individuals, including men and women, react with expressions of fear and surprise to the imposing figure.
Audio segment caption: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice 
whispers, "He's here," as the dramatic music swells.

# Segment 12
Timestamp: ["0:01:45.4", "0:02:17.2"]
Visual segment caption: A sprawling, multi-tiered city atop a mountain, grand futuristic architecture, and large-scale mechanical 
structures. Scenes of intense action, explosions, and destruction are interspersed with close-ups of characters displaying fear,
determination, and concern. Landscapes transition from cloudy skies to fiery, volcanic terrains and barren expanses.
Audio segment caption: Dramatic, orchestral music plays. A male voice says, "In the great game of survival, this is checkmate." 
Another male voice says, "I knew you wouldn't leave me." A female voice responds, "Shut up and run." A male voice asks, "You sure 
you want to do this?" A female voice replies, "I have to. For my mother." A different female voice says, "You look at her and all you 
see are the jagged edges. But she is something quite different." A male voice adds, "She is beautiful and strange." The second female 
voice concludes, "And very, very rare."

# Segment 13
Timestamp: ["0:02:17.3", "0:02:36.1"]
Visual segment caption: Movie title card followed by film credits, concluding with a split black and white screen with text 
encouraging subscriptions and suggesting another video.
Audio segment caption: Dramatic and suspenseful orchestral music.

# V2T
Question: What are the start and end time of the video segment corresponding to this visual information: < A large, shadowy figure with 
glowing green eyes and hands appears, creating a menacing presence. Several individuals, including men and women, react with 
expressions of fear and surprise to the imposing figure. > ?
Answer: From 94.6 seconds to 105.4 seconds.

# T2V
Question: Can you describe the visual information of the video segment from 94.6 to 105.4 seconds ?
Answer: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including 
men and women, react with expressions of fear and surprise to the imposing figure.

# A2T
Question: What are the start and end time of the audio segment corresponding to this audio information: < Intense, dramatic music with 
metallic clanging sounds is followed by a monstrous roar. A female voice whispers, "He's here," as the dramatic music swells. > ?
Answer: From 94.6 seconds to 105.4 seconds.

# T2A
Question: Can you describe the audio information of the audio segment from 94.6 to 105.4 seconds ? 
Answer: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as 
the dramatic music swells.

# V2A
Question: Can you describe the audio information of the audio segment corresponding to this visual information: < A large, shadowy figure 
with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including men and women, react with 
expressions of fear and surprise to the imposing figure. > ?
Answer: Intense, dramatic music with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as 
the dramatic music swells.

# A2V
Question: Can you describe the visual information of the video segment corresponding to this audio information: < Intense, dramatic music 
with metallic clanging sounds is followed by a monstrous roar. A female voice whispers, \"He's here,\" as the dramatic music swells. > ?
Answer: A large, shadowy figure with glowing green eyes and hands appears, creating a menacing presence. Several individuals, including 
men and women, react with expressions of fear and surprise to the imposing figure.

Figure 8. A case of question and answers for 6 subtasks in the audiovisual temporal grounding task.

10. Additional Details and Results of Experi-
ments

10.1. Training Hyperparameters
In supervised fine-tuning stage, we train on 70K data sam-
ples for 1 epoch, as introduces in Section 6.2. We employ a
batch size of 16. Optimization is guided by a cosine learn-
ing rate scheduler with a peak learning rate of 5 × 10−6,
a warmup ratio of 0.05, a minimum learning rate ratio of
0.01, and no weight decay. The maximum context length
is configured to 32K tokens. We trained for about 17 hours
using 8×NVIDIA A800-80GB GPUs in this stage.

In reinforcement learning stage, we train on 4K data
samples for 1 epoch, using a batch size of 4 for 1000 steps.
During the rollout process within GRPO, the generation
temperature is set to 1.0, and the maximum number of gen-
erated tokens is 1024. we sample 4 generations per prompt.
The KL divergence penalty coefficient β is set to 0.04 to
ensure controlled deviation from the initial policy. Learn-
ing rate is set to 1 × 10−6. We trained for about 27 hours
using 4×NVIDIA A800-80GB GPUs in this stage.

10.2. Additional Details of Evaluation Settings

For all the models we evaluate, we use the officially recom-
mended number of frames, for example, 8 frames for Vide-
oLLaMA, 64 frames for Ola, 100 frames for Avicuna and
LongVALE-LLM, 150 frames for ARC-Hunyuan-Video, 2
fps (for videos shorter than 384 seconds) or 768 frames (for
videos longer than 384 seconds) for Qwen2.5-Omni and
Qwen3-Omni. To ensure fairness and reproducibility, we
use greedy sampling for all models on evaluation. Due to
different models using various time formats during training
(e.g. frame index for AVicuna and LongVALE-LLM, abso-
lute time format “HH:MM:SS” for ARC-Hunyuan-Video),
we convert the time format in the ChronusAV benchmark
to match the format used by the models during training in
order to ensure the best inference results.

10.3. Frame Sampling Ablations

We perform an ablation study on the number of sampled
frames during the inference stage, with the model trained
on 64 frames. As shown in Table 6, the model achieves op-
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Table 6. Ablation study on sampled frame number of ChronusOmni. B: BLEU-4. R: ROUGE-L. M: METEOR. C: CIDEr.

Model Frame Number V2T T2V A2T T2A V2A A2V

R@0.5 R@0.7 B R M C R@0.5 R@0.7 B R M C B R M C B R M C

ChronusOmni 32 51.40 32.95 1.02 3.12 1.93 4.44 83.85 66.90 6.32 6.36 4.22 27.02 3.15 4.46 3.14 10.73 0.49 2.34 1.84 0.43
ChronusOmni 64 63.15 45.95 1.16 3.37 2.12 5.07 90.50 79.85 6.78 6.86 4.50 34.30 3.61 4.90 3.27 13.60 1.01 3.17 2.12 3.03
ChronusOmni 128 60.20 43.85 1.20 3.42 2.14 5.24 90.30 82.90 6.38 6.76 4.23 34.62 3.62 4.76 3.00 13.60 1.00 3.19 2.11 3.43

Table 7. Comparison with base model on inference efficiency.
ChronusOmni incurs only a slight increase in inference latency
compared to the base model, striking a favorable balance between
performance and efficiency.

Model Avg. CPU Time Avg. GPU Time Avg. Infer Time

Base model (Ola) 1.51 s 2.01 s 3.52 s
ChronusOmni 1.55 s 2.18 s 3.73 s

timal performance across most subtasks when the inference
frame number matches the training setting (64 frames). Re-
ducing the frames to 32 results in a noticeable performance
drop due to information loss. While increasing the sam-
pling rate to 128 frames slightly improves some metrics by
providing denser temporal guidance, it also degrades per-
formance in some metrics. This decline is likely attributed
to the gap between training and inference. Consequently,
we maintain 64 frames as the default inference setting to
ensure consistency and maximize performance.

10.4. Inference Efficiency Evaluation
Due to the introduction of additional time tokens and the
token interleave process compared to the base model, We
clearly compare the inference efficiency in Table 7 to an-
alyze the computational burden brought by our approach.
We test the average inference CPU and GPU time of the
base model and ChronusOmni over 2000 samples of the
A2T subtask in ChronusAV benchmark on a single A800
GPU. Compared with the base model, ChronusOmni in-
troduces negligible computational overhead. Specifically,
the average total inference time increases by only 0.21 sec-
onds (from 3.52 s to 3.73 s), demonstrating that our method
maintains the high efficiency of the backbone while incor-
porating additional capabilities.

10.5. Qualitative Results
We provide qualitative results of ChronusOmni and other
two audiovisual LLMs in various subtasks of ChronusAV
benchmark in Figures 9-14. As shown in Figures 9 and Fig-
ures 11, ChronusOmni can locate more precise time bound-
ries. Figures 10, 12, 13 and 14 shows ARC-Hunyuan-
Video and Qwen3-Omni often describe information out-
side of the time periods in the time-related caption sub-
tasks (T2V, T2A, V2A, A2V), or they may omit information
within the time periods. In comparison, ChronusOmni’s
output demonstrates stronger temporal awareness.

What are the start and end time of the video segment corresponding to 
this visual information: < A hand navigates the Instagram app on a 
smartphone, scrolling through the feed, viewing a story, and adjusting 
story privacy settings to hide a story from a specific follower. > ?

V2T

Ground Truth: [215.1, 234.5]

ARC-Hunyuan-Video

[46, 234]

Qwen3-Omni
[131, 191]

ChronusOmni
[213.0, 235.6]

Figure 9. Qualitative results on V2T subtask. The sample is from
ChronusAV benchmark.

Can you describe the visual information of the video segment from 
170.6 seconds to 186.4 seconds ? 

T2V

Ground Truth: A man kneels on the ground and uses power tools to attach fittings 
to the base of a wooden fence post, with two wooden stakes temporarily 
supporting the post.

ARC-Hunyuan-Video

In this segment, two men are shown completing the initial stages of 
constructing the fence. The primary activity involves one man using 
an adjustable spanner to tighten a screw on the base of a vertical 
wooden post, ensuring it is firmly anchored into the ground. He then 
proceeds to secure the top of the same post with another screw. 
Subsequently, he moves to a second post and performs the identical 
action of tightening a screw at its base, demonstrating the crucial step 
of securing the fence posts for stability before proceeding with further 
assembly.

Qwen3-Omni

A man in a blue shirt and black pants is working on a wooden fence in 
a wooded area. He is using a drill to attach a piece of wood to the 
fence. There is a pile of dirt next to the fence.

ChronusOmni

A man in a blue shirt is kneeling on the ground, using a drill to attach 
an L-bracket to a wooden fence post. He is outdoors with some grass 
and trees in the background.

Figure 10. Qualitative results on T2V subtask. The sample is from
ChronusAV benchmark. The underlined sentence indicates the in-
correct part.
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What are the start and end time of the audio segment corresponding to 
this audio information: < A cheerful female voice says, "I hope you 
enjoyed this. This was one of the requests from our viewers. Don't 
forget to subscribe. See you next time. Take care. Bye bye." This is 
accompanied by light, acoustic background music that continues after 
the speech ends. > ?

A2T

Ground Truth: [201.7, 217.9]

ARC-Hunyuan-Video

[32, 208]

Qwen3-Omni
[302, 317]

ChronusOmni
[201.6, 217.9]

Figure 11. Qualitative results on A2T subtask. The sample is from
ChronusAV benchmark.

Can you describe the audio information of the audio segment from 
42.7 seconds to 60.2 seconds ? 

T2A

Ground Truth: A man says, "you could find out where a good food is." A soft 
click is heard, followed by another man asking, "Where can I get a falafel?" A 
beep sounds, and then a woman's voice states, "Looking for restaurants whose 
reviews mention falafel. I found quite a few restaurants a little ways from you." 
The first man continues, "and it'll instantly program it into your nav system and 
the car, it'll take you right there."

ARC-Hunyuan-Video

In this segment, a man asks the car's voice assistant where to find a 
restaurant with a review for falafel. The car's automated voice 
immediately responds, stating it has located several nearby restaurants 
that fit the criteria. The man concludes by mentioning that the system 
will automatically program the selected address into his navigation 
system.

Qwen3-Omni

The audio features a male speaker discussing the functionality of a 
car's navigation system. He explains how the system can find 
addresses, locate places to eat, and program destinations into the 
navigation system. The speaker also mentions that the system can 
handle text messages and music playback.

ChronusOmni

A man speaks, "you could find where you want to go. You could find 
out where good food is." A beep sounds, followed by a female voice 
speaking, "Where can I get a falafel?" Another beep sounds, and the 
female voice continues, "Looking for restaurants whose reviews 
mention falafel. I found quite a few restaurants a little ways from 
you." The man then says, "And it'll instantly program it into your nav 
system and the car, it'll take you right there."

Figure 12. Qualitative results on T2A subtask. The sample is from
ChronusAV benchmark. The underlined sentence indicates the in-
correct part.

Can you describe the audio information of the audio segment 
corresponding to this visual information: < Person's hands attempting 
to open a plastic bag containing a brown substance, with a pot nearby. 
The word "STRUGGLES" is displayed on screen. > ?

V2A

Ground Truth: A person says, "It's a lot of oil," accompanied by the sound of a 
plastic wrapper crinkling. A bell rings, followed by a light laugh.

ARC-Hunyuan-Video

The audio segment corresponding to the visual of the person 
struggling to open a plastic bag is a loud, hissing or crinkling sound.

Qwen3-Omni

The audio features a person struggling to open a plastic bag, 
accompanied by the sound of crinkling plastic. The person says, "It's a 
lot of oil," and then, "Alright, now pour that in." The audio also 
includes the sound of a whisk being used to mix ingredients in a bowl.

ChronusOmni

A person speaks, "It's a lot of oil." This is followed by the sound of 
plastic crinkling and a loud bang. The person then laughs.

Figure 13. Qualitative results on V2A subtask. The sample is
from ChronusAV benchmark. The underlined sentence indicates
the incorrect part.

Can you describe the visual information of the video segment 
corresponding to this audio information: < A clinking sound is heard, 
followed by a person speaking, "Next, add a half a cup of water." 
This is accompanied by the sound of liquid being poured and a thud. 
The person continues, "Four teaspoons of pure vanilla extract," as 
more liquid is poured, followed by another clinking sound. The 
person then says, "Four tablespoons of dark cocoa powder," which is 
accompanied by tapping sounds. > ? 

A2V

Ground Truth: A woman in a kitchen adds ingredients to a blender on a countertop. 
She has short, curly dark hair and wears a grey top with a light-colored apron. The 
kitchen features wooden cabinets and a white stove.

ARC-Hunyuan-Video

A woman introduces her recipe for a healthy chocolate pudding and 
adds two peeled avocados into a blender. She adds maple syrup, water, 
vanilla extract, cocoa powder, and sea salt to the blender. The woman 
puts the lid on the blender, inserts the tamper, and blends all the 
ingredients together. She pours the finished chocolate pudding into a 
glass, tastes it, and shows the final product along with the recipe.

Qwen3-Omni

A woman in a kitchen prepares a chocolate pudding recipe using a 
blender. She adds ingredients such as avocado, maple syrup, water, 
vanilla extract, cocoa powder, and sea salt into the blender. After 
blending the mixture, she pours it into a glass bowl and garnishes it 
with a raspberry and mint leaf before taking a bite.

ChronusOmni

The video shows a woman in a kitchen, wearing an apron and a grey 
top, standing next to a blender. She is adding ingredients to the 
blender, which already contains some green ingredients. She pours 
water from a glass into the blender, followed by liquid from another 
bowl, then adds vanilla extract and cocoa powder.

Figure 14. Qualitative results on A2V subtask. The sample is
from ChronusAV benchmark. The underlined sentence indicates
the incorrect part.
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