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Abstract—This paper provides a fundamental characterization
of the discrete ambiguity functions (AFs) of random commu-
nication waveforms under arbitrary orthonormal modulation
with random constellation symbols, which serve as a key metric
for evaluating the delay-Doppler sensing performance in future
ISAC applications. A unified analytical framework is developed
for two types of AFs, namely the discrete periodic AF (DP-
AF) and the fast-slow time AF (FST-AF), where the latter
may be seen as a small-Doppler approximation of the DP-
AF. By analyzing the expectation of squared AFs, we derive
exact closed-form expressions for both the expected sidelobe
level (ESL) and the expected integrated sidelobe level (EISL)
under the DP-AF and FST-AF formulations. For the DP-AF, we
prove that the normalized EISL is identical for all orthogonal
waveforms. To gain structural insights, we introduce a matrix
representation based on the finite Weyl-Heisenberg (WH) group,
where each delay-Doppler shift corresponds to a WH operator
acting on the ISAC signal. This WH-group viewpoint yields sharp
geometric constraints on the lowest sidelobes: The minimum
ESL can only occur along a one-dimensional cut or over a
set of widely dispersed delay-Doppler bins. Consequently, no
waveform can attain the minimum ESL over any compact two-
dimensional region, leading to a no-optimality (no-go) result un-
der the DP-AF framework. For the FST-AF, the closed-form ESL
and EISL expressions reveal a constellation-dependent regime
governed by its kurtosis: The Orthogonal Frequency Division
Multiplexing (OFDM) modulation achieves the minimum ESL
for sub-Gaussian constellations, whereas the Orthogonal Time
Frequency Space (OTFS) waveform becomes optimal for super-
Gaussian constellations. Finally, four representative waveforms,
namely, Single-Carrier (SC), OFDM, OTFS, and Affine Fre-
quency Division Multiplexing (AFDM), are examined under both
frameworks, and all theoretical results are verified through
numerical examples.
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I. INTRODUCTION

NTEGRATED Sensing and Communication (ISAC) has
I emerged as a transformative design paradigm for the sixth-
generation (6G) wireless networks [1], [2]. In 2023, the In-
ternational Telecommunication Union (ITU) released its Rec-
ommendation Framework for IMT-2030 and identified ISAC
as one of the six primary usage scenarios for 6G [3]. Unlike
conventional systems where sensing and communication are
treated as independent functionalities, ISAC envisions a tightly
coupled integration of the two to support a wide range of
emerging applications, including Smart Cities and Homes,
Vehicular Networks, and the Low-Altitude Economy [2]. Such
integration enables the shared use of frequency and power re-
sources, significantly enhancing spectral and energy efficiency
[4], [5], while also facilitating mutual performance gains
through sensing-assisted communications and communication-
assisted sensing [6].

One of the fundamental challenges in ISAC is to design
waveforms that can simultaneously enable accurate target
sensing and maintain reliable communication performance.
Existing waveform design strategies are generally grouped
into three categories: Sensing-centric, communication-centric,
and joint design approaches [7], [8]. Sensing-centric methods
embed communication data into conventional radar signals,
while communication-centric schemes repurpose standardized
communication waveforms to perform sensing tasks [9]-[12].
Joint design approaches construct novel ISAC waveforms with
the objective of achieving a balanced tradeoff between sensing
accuracy and communication efficiency [13]-[15]. Owing to
their inherent compatibility with current cellular protocols,
communication-centric designs can be seamlessly integrated
into existing network infrastructures without significant hard-
ware modifications, thereby enabling practical ISAC deploy-
ment with minimal impact on established communication
performance.

In current communication-centric ISAC designs, sensing
functionality is largely supported by a small set of physical
layer reference signals, such as channel state information
reference signals (CSI-RS) and sounding reference signals
(SRS) [16]-[18]. These signaling elements are deterministic
and well structured, which provides desirable auto-and cross-
correlation characteristics for delay-Doppler estimation tasks.
Nevertheless, they typically account for only around 10% of
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the entire frame, leaving the majority of resources unused
from the sensing perspective. Given the increasingly stringent
sensing accuracy requirements foreseen for 6G networks,
relying solely on these signals is no longer adequate. It is
therefore natural to consider exploiting the remaining 90%
time-frequency resources, which primarily transmit communi-
cation data payloads, in order to reinforce sensing capability
and improve overall resource efficiency. This strategy, how-
ever, introduces a fundamental conflict: While deterministic
signals are ideal for radar sensing, data payloads are inher-
ently random, and such randomness can significantly degrade
sensing performance [19], [20]. This critical issue has recently
been identified as the deterministic-random tradeoff (DRT) in
ISAC systems [21], [22]. Understanding how sensing behaves
under such randomness is therefore essential. Accordingly, a
careful theoretical analysis is required to evaluate the sensing
capability when the waveform carries random data.

The ambiguity function (AF), first introduced by Woodward
in 1953 [23], characterizes the two-dimensional (2D) self-
convolution of a deterministic radar waveform in the delay-
Doppler domain. For periodic signals, or signals equipped
with a cyclic prefix (CP), the AF can be further generalized
to the periodic AF [24], [25]. As a foundational tool in radar
sensing, the AF enables the evaluation of two key performance
metrics: delay-Doppler resolution, governed by the mainlobe
width, and mutual interference among targets, determined by
the sidelobe level. Consequently, shaping the AF or its zero-
Doppler slice (also known as the auto-correlation function
(ACF)) to achieve desirable ambiguity characteristics has been
a longstanding research topic since the early development of
radar systems [26]-[28]. Beyond waveform design, the AF is
also closely linked to fundamental estimation-theoretic limits.
Under a single-target scenario with additive white Gaussian
noise (AWGN), maximum likelihood estimation (MLE) re-
duces to identifying the peak of the AF [29]. Furthermore,
the curvature of the AF mainlobe is proportional to the Fisher
information and thus directly linked to the Cramér—Rao bound
(CRB) [30]. In addition, the Ziv—Zakai bound (ZZB), widely
recognized as a tighter bound than the CRB [31], [32], can be
expressed as a nonlinear functional of the AF in the single-
target AWGN case [33].

In addition to Woodward’s conventional AF definition, the
fast-slow-time (FST) ambiguity function (FST-AF) also plays
a critical role in sensing performance assessment. Specifically,
the fast-time dimension corresponds to the samples within
a single radar pulse and is used for delay estimation by
measuring their arrival times. The slow-time dimension, in
contrast, spans consecutive pulses and enables Doppler estima-
tion through phase variations across pulses [34]-[36]. In radar
signal processing, the FST representation typically aligns with
the widely adopted “stop-and-go” model, where the Doppler
shift is assumed constant within each pulse and only varies
across pulses [37]. This approximation is valid in scenarios
with small or moderate Doppler frequencies, where inter-
carrier interference (ICI) is negligible. The FST-AF is defined
as the two-dimensional discrete Fourier transform (2D-DFT)
of the element-wise squared signal in the frequency—slow-time
domain. At the receiver, the 2D-DFT operation over the echo

signal yields the multi-target delay-Doppler profile, which may
be interpreted as a noisy linear combination of multiple time-
frequency shifted FST-AFs.

While the AF theory has been extensively developed
for deterministic radar waveforms, its direct application to
communication-centric ISAC signals remains challenging. Due
to the inherent randomness of communication data symbols,
the resulting AF becomes a random function, whose statistical
characteristics strongly depend on the underlying modulation
waveform and constellation alphabet. Consequently, assessing
the mainlobe and sidelobe behavior based on a single real-
ization of data sequence is no longer meaningful. Instead, the
AF must be evaluated in an statistical sense, which forms the
central motivation of this work.

In our previous study [38], we derived closed-form expres-
sions for the average squared ACF of random communication
signals under both periodic and aperiodic configurations. The
results rigorously proved that, among all orthogonal wave-
forms employing Quadrature Amplitude Modulation (QAM)
or Phase Shift Keying (PSK) constellations, OFDM achieves
the lowest ranging sidelobe level, thereby enabling superior
ranging accuracy. These findings were further extended to
pulse-shaped signals in [39], where a metaphorical “iceberg
hidden in the sea” structure was introduced to describe the
statistical behavior of the ACF. Specifically, the “iceberg”
corresponds to the squared mean of the ACF, determined by
the squared ACF of the adopted pulse-shaping filter, whereas
the “sea level”, arising from the randomness of data payloads,
represents the variance of the ACF. However, these studies
were restricted to the zero-Doppler characteristics of the AF.
A complete characterization of the ambiguity properties of
random communication signals in the full delay-Doppler do-
main therefore remains largely unexplored. This necessitates a
deeper investigation into the statistical ambiguity properties of
communication-centric ISAC waveforms, beyond conventional
deterministic waveform analysis for radar systems.

To bridge this gap, this work focuses on analyzing the
discrete AFs of orthogonal communication waveforms. Specif-
ically, we aim to address the following two fundamental
questions:

o How to evaluate the average delay-Doppler sidelobe level

of communication waveforms carrying random symbols?

o What is the optimal communication-centric waveform for

joint delay and Doppler estimation?

To answer the first question, we investigate both the dis-
crete periodic AF (DP-AF) and the FST-AF of communica-
tion waveforms with independently and identically distributed
(i.i.d.) constellation symbols. In particular, we derive generic
closed-form expressions for the average squared DP-AF and
FST-AF under arbitrary modulation bases. We further examine
several representative waveform designs commonly employed
in communication systems, including SC, OFDM, OTFS, and
AFDM.

To answer the second question, we introduce the expected
sidelobe level (ESL) and the expected integrated sidelobe level
(EISL) as sensing performance metrics for random commu-
nication waveforms. We show that the normalized EISL of
the DP-AF remains unchanged across different modulation



schemes and constellations. This is a direct consequence of the
volume invariance of classical AFs. In addition, we prove that
no orthogonal waveform can achieve the minimum ESL over
any compact two-dimensional region in the delay-Doppler
plane. At best, the lowest sidelobes may occur either along a
one-dimensional cut, such as zero-delay or zero-Doppler cuts,
or at a set of well-separated delay-Doppler bins. Therefore,
there does not exist any waveform that is globally or locally
optimal for minimizing the ESL in the DP-AF framework. In
contrast, under the FST-AF formulation, OFDM achieves the
minimum EISL and average sidelobe level when using sub-
Gaussian constellations such as QAM and PSK, while OTFS
attains the minimum values when employing super-Gaussian
constellations.

The remainder of this paper is organized as follows. Sec. II
introduces the system model and formally defines the ESL
and EISL metrics for both AF formulations. Secs. III and
IV analyze the DP-AF and FST-AF, respectively, and further
investigate several representative communication waveforms.
Finally, Sec. V concludes the paper.

Notations: Matrices are denoted by bold uppercase letters
(e.g., U), vectors are represented by bold lowercase letters
(e.g., x), and scalars are denoted by normal font (e.g., IV);
The nth entry of a vector s, and the (m,n)-th entry of a
matrix A are denoted as s,, and a,, ,, respectively; ®, ® and
vec (+) denote the Kronecker product, the Hadamard product
and the vectorization, (-)*, ()", and (-)* stand for transpose,
Hermitian transpose, and the complex conjugate of the matrix;
The entry-wise square of a matrix X is denoted as |X|2 =X0O
X*; The £, norm and Frobenius norm are written as ||-||, and
||-|| > and IE(-) represents the expectation operation; ® denotes
the circular convolution; The notation Diag(a) denotes the
diagonal matrix obtained by placing the entries of a on its main
diagonal; 1,5 and 1y represent the all-one matrix with size
N x N and the all-one vector with length N; Card (-) denotes
the cardinality of a set; (-) y denotes the modulo N operation;
The symbol d,, , denotes the Kronecker-Delta function:

i
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II. SYSTEM MODEL AND PERFORMANCE METRICS
A. Communication-Centric ISAC Signal Model

In this section, we introduce two types of communication-
centric ISAC signal models, namely, the one-dimensional (1D)
and two-dimensional (2D) models. While the 1D signaling
naturally models the consecutive transmission of the time-
domain signal, in practical communication systems, multiple
constellation symbols are often grouped and mapped into two
dimensions, thereby forming a 2D signal model. Specifically,
we adopt the DP-AF and FST-AF to analyze the 1D and 2D
models, respectively.

1) 1D Signaling: Let us consider the transmission of N
i.i.d. communication symbols s = [sq1, sa, .. .,sN]T e CV,
which are drawn from a proper constellation S, and modulated
over an orthonormal basis in the time domain. Such a basis
can be represented by a unitary matrix U = [uy, ug, ..., un] €

m # n;

m =n.

U(N), where U(N) denotes the unitary group of degree N.
Consequently, the discrete time-domian signal can be given by

N
XZUSZZSnunECN.

n=1

ey

This general model captures a wide range of practical com-
munication signaling schemes, including four representative
examples: SC, OFDM, OTFS, and AFDM, given as

xsc = Iy - s, (2a)
xorpm = FY - s, (2b)
xorrs = (FN, ®1In,) s, NiN; =N, (20)
xarpm = (ATFEAL) s, (2d)

where F y is the normalized discrete Fourier transform (DFT)

matrix of size N, with its (m,n)-th entry being defined as
1 _d2r(m—1)(n-1)
N

ﬁ N and
. , T
A, = Diag ([1, e~Ime 6_32“(1\[_1)2} ) := Diag (c),

3)

where ¢ can be either ¢ or ¢y, and 2N¢; € Z.
To proceed, let us further impose some generic constraints
on the considered constellation symbols.

Assumption 1 (Unit Power and Rotational Symmetry). We
focus on constellations with unit power, zero mean, and zero
pseudo-variance, defined as

E(s]*) =1, E(s)=0, E(s?)=0, se€S. (4

The unit-power normalization in Assumption 1 enables fair
comparison of sensing and communication performance under
varying constellation formats. Moreover, most practical con-
stellations, such as the PSK/QAM families, satisfy the zero
mean and zero pseudo-variance properties, whereas BPSK and
8-QAM are two outliers that do not satisfy the latter.

We now define the kurtosis of a constellation, which serves
as a key component in shaping the AF of communication
signals, and is given by

__E{s—E@)'}
E2 {|s —E(s)[*}
Under unit power and zero mean conditions, kurtosis reduces

to the fourth-order moment x = E(|s|*). Using the power
mean inequality yields

E(Js/*) > B (|s/*) = 1. ©)

The standard complex Gaussian constellation, which has a
kurtosis of 2, also satisfies the above criteria. Taking the
Gaussian constellation as the baseline, we may define the
following two categories of constellations.

&)

Definition 1 (Sub-Gaussian Constellation). A constellation
is sub-Gaussian when its kurtosis is less than 2, subject to
Assumption 1.

Definition 2 (Super-Gaussian Constellation). A constellation
is sub-Gaussian when its kurtosis is greater than 2, subject to
Assumption 1.



Specifically, PSK exhibit x = 1, while all QAM constellations
have 1 < k < 2, both of which are sub-Gaussian.

2) 2D Signaling: Let us consider a generic 2D modulation
scheme, which may be represented as an N x M time-domain
signal matrix as

X =USV e CV*M, (7

where S € CN*M contains i.i.d. constellation symbols,

and U € U(N) and V € U (M) are unitary matrices
with dimensions N and M, respectively. Without the loss of
generality, we name each row and column of X as a fast-time
and a slow-time sample, respectively. Accordingly, U and V
may be respectively treated as fast- and slow-time signaling
bases. The fast-time domain is sometimes referred to as the
delay domain, whereas the slow-time domain is the Fourier
dual of the Doppler domain. Note that in practical systems,
the time-domain signal is transmitted in a serial manner, i.e.,

vec (X) = (VI @ U) vec (S) € CNM*1, (8)

which may be realized through simple parallel-to-serial trans-
form over X. Accordingly, the 2D counterparts of the four
typical modulation schemes in (2) may be formulated as

Xsc=1In-S-1Ium, (%a)
Xorpum = FY - S Iy, (9b)
Xorrs = Iy -S-Fj, (%)
Xarpm = (ATFEATY S 1y, (9d)

both of which occupy N fast-time and M slow-time slots.

B. Sensing Signal Processing and Performance Metrics

1) Preliminaries: Before proceeding with the technical
development, we introduce several matrix operators and key
concepts that will be used throughout the analysis. Consider
a discrete-time signal of length N. A time shift by k& samples
and a Doppler frequency shift indexed by ¢ can be represented
via matrix multiplications. In particular, the aperiodic (non-
circular) time-shift matrix is denoted as

Ing = { 0 0] e RVXN (10)

In_r O

which implements a downward shift by k& samples with zero-
padding. Moreover, the frequency-shift matrix is defined by

DN_’q L= Diag (l,ejif\ﬂ,...,ejLP)
= \/NDiag(fJ’t,ﬂJrl), (11)

where fx 441 is the g-the column of the size-N DFT matrix.

In multi-carrier modulation systems, a CP is typically ap-
pended at the transmitter to mitigate delay spread caused by
multipath propagation and to maintain subcarrier orthogonal-
ity. Let the CP length be Ncp < N. The CP may be appended
to a length-N signal by multiplying with:

ACP — ONCPX(N*NCP% INCP c R(N“FNCP)XN'

Iy 12)

After reception, the CP is discarded via the CP-removal matrix

Rep = [ONXNcpu:[N] e RV X(N+Nee) (13)

A well-known identity among the above matrices is

0 I,

RepI N+ N kAcp = [IN—k 0

] =JIng, (14)

where J . € RV*Y denotes the periodic time-shift matrix.
This identity shows that CP insertion and removal effectively
convert an aperiodic time shift into its periodic counterpart.

Define Gy 4 := Dy ¢Jn,k, Where k,q € Zy. Here, Zn
denotes the cyclic group of integers modulo N, i.e., Zy :=
{0,1,..., N — 1}, with all operations performed modulo N.
It can be shown that the set

H(N) = {eﬂ%Gk7q} (15)

(L,k,q)€Z3,

constitutes a unitary representation of the finite dimensional
Weyl-Heisenberg (WH) group. A fundamental property of the
WH group is the non-commutation relation between time- and
frequency-shifts, which is

_ j2mak
N Jn Dy g

DygIng =e (16)
With these matrix definitions in place, we now proceed to
formally derive the DP-AF and FST-AF.

2) DP-AF: Let us commence with the simplest case where
a time-domain signal x = Us € CV is appended with a CP,
and is then propagated through a single-target channel with
delay-Doppler indices kg, ¢o, as well as the complex channel
gain Bo € C. The noiseless version of the received signal is
expressed as

X = BODN-i-NCp,szjN-i—Ncp,koACPX- (I7)

The CP-removal operation at the receiver yields

Rcpx = BoRcpD N+ Nep,go I N+ New, ko ACPX

) JN,kox

27§y Nop

= [yDiag (eg N+Ner ..., €

. 27go (N+Nep—1)
J N+Ncp

~  j2raoNce 2o (N=1)
= fpe’ ¥+Ner Diag ( 1,...,e" N Ve | Iy pox.  (18)
. > j2rdoNcp Ndo 1
By ]ettlng Bo = Boe’ NFtNee | 9 = Nrne: we have

Rcpx = BoDy,¢J v ix. (19)

The above single-path noiseless case may be readily ex-
tended to a generic scenario where L targets are located at
different ranges and moving with different velocities. Each
target is characterized by a complex amplitude (3, a delay 7y,
and a Doppler vy, ¢ = 1,2,..., L. After CP removal at the
receiver, the received echo signal may be given as

L

y = Z BZDN,(][JN,]C[X + Z7
(=1

(20)

'Note that in practical signal processing, such equivalence can be estab-
lished through down-sampling operation.



where z denotes the AWGN. Upon receiving y, a common
practice is to matched-filter (MF) y by a time-frequency
shifted counterpart of x, yielding the output:

~MF

ykq =X J kDqu

= me I DN DN IN e X + Zig

~

H T * =
:E Bex"IN kDN g g I N kX + Zi g
=1

j2mky(a—ay)
N

Bee

I
M=

H T * =
X JN,kJNJwDN,q—qu + Zk,q

~
Il
a

Jj2mky(a—ay)
N

Bee 21

[
M=

H * ~
JN k—ke DN g—q.X T Zhq>

~
Il
—

where Zj, , = XHJJA}_’kD}‘V’qZ. The DP-AF may be accordingly
defined as

App(k,q) = x"I DYy %, (k,q) € Zy 22)

under which the MF output can be rewritten as

~MF

L
j27ky(q—qyp) -
Ukq = Zﬁfzej N App (k= keoq — q0) + Zrgs (23)

=1
which is a linear combination of time-frequency shifted DP-
AFs. In order to facilitate multi-target detection, it is desirable
that the squared output |j}, it |2 exhibits pronounced peaks
at (k,q) = (ke¢,qe) and low sidelobe levels elsewhere. This
is strongly influenced by the overall structure of App(k,q),
motivating the definition of sidelobe level of App(k, q) as

|[App (k,q)* = [x" I} Dy xI*,

- |X DN,qJN,kX|27 V(k,q) 7& (070)

The mainlobe of DP-AF is [App(0,0)> = [x7x|? = ||x||3.
It follows that the integrated sidelobe level (ISL) can be
expressed as

(24)

N—-1N-—

ISLpp = Z

Due to the random nature of the signal, the DP-AF is a random
function. Therefore, we define the ESL as a sensing metric to
characterize the average performance, which is expressed as

E(lApp (k,9)|*) = E(x" Dy I wix|?), (k.q) # (0,0),
(26)

where the expectation is taken over the random symbol vector
s. In sight of |App(0,0)|? = ||x||3, the average mainlobe level
may be computed by [38]

E(]App (0, 0)|%) = E(|x]|3)

and the corresponding EISL is given by

,_.

|App(k, q)|* — |App(0,0)[2.  (25)

0 ¢=0

=N*+(k—1)N, (27)

N—-1N-1

BISLpp = > Y E(|App (k. q)1%)

k=0 ¢=0

—E(|App(0,0)[?).
(28)

3) FST-AF: Let us consider the transmission of a size-
MN ISAC signal x = vec(X) € CMN*! By assuming
that the Doppler frequency is sufficiently small, the resulting
phase shift can be considered constant over blocks of N
samples, changing only between them. This allows the signal
x to be partitioned into M column vectors, forming the 2D
FST representation X = [x1,Xa,...,xps] € CV*M_ At the
transmitter, a CP is added to each slow-time block (each
column) to cover the maximum target delay. Suppose the
length of CP is Ncp, the signal with CP can be given by

Xcp = AcpX € CN+Ner)x M, (29)

To transmit the signal in the physical channel, a parallel-to-
serial transform is performed over Xcp, leading to

(In ® Acp)x.

For simplicity, we initially focus on a single-target scenario,
with delay-Doppler indices kg, go and channel gain Bo € C.
After propagating through the physical channel, the received
noiseless signal is

Xcp = vec(ch) = (30)

% = BoDar (N4 Now).ao T M(N+ Nop ) ko XCP5 (31)

where kyp < Ncp. Assuming that the fast-time Doppler is
sufficiently small, such that #%\;P) < 1, one may employ
the approximation

j2mao[(m—1)(N+Ngp)+(n—1)] J27q(m—1)(N+Ngp) j2mgq(n—1)

e M(N+Ncp) —e M(N+Ncp) e M(N+Ncp)
j2mgg(m—1)
~e M , m=1,2,....M, n=1,2,..., N + Ncp.
(32)

This approximation implies that each fast-time sample within
the m-th slow-time block experiences the same Doppler phase
shift, aligning with the “stop-and-go” model in pulse-Doppler
radar signal processing. > This suggests that the Doppler shift
matrix can be approximated as

DM(N+NCP),qo ~ DM,qo ® IN+Ncp7 (33)

up to a global phase shift. Consequently, the received signal
can be approximated as

% ~ Bo (Dat,q0 @ INtNew) M (N4 Now) ko XCP (34)

where the global phase shift is incorporated in the channel
gain [y. By recalling (30), and using the identity

(Ins @ Rop) I ni(n 4 New) ko (It ® Acp) = Iny @ Iy ko
(35
the received signal after CP removal can be simplified to

y = (IM X ch)f( ~ Po (DM,qo ®JN7k0)X

Similarly, in the L-target scenario, the received signal becomes

(36)

L

y ~ Zﬂg (DN,q@ ®JN71W)X+Z.
(=1

(37)

2Note that this assumption may still hold in large-Doppler scenarios when
the CP is replaced by zero padding (ZP). In this case, the ZP guard interval
can be extended as much as needed, whereas the CP length is inherently
limited to at most V. A sufficiently long ZP suppresses the Doppler-induced
phase variation within each fast-time symbol, which is analogous to a pulsed
radar operating with a small duty cycle.



By performing MF over y, we have

Q;ll/qu =x" (D, @JIN4)y

~ Zﬁex

where Zj, , = x (D*Myq ® qu\},k) z. One may then define the
FST-AF as

Arst (k, q) :==x"

DA{q qe®JNk ke)x+2]g)Q7 (38)

(Dirg ®J%,k) x, k€Zn,q€Zu,

(39)
using which the MF output can be expressed again as the
linear combination of L time-frequency-shifted FST-AFs.

To proceed with a more compact formulation, let us rep-
resent the frequency-slow-time domain signal of the FST

representation as
Xrr:=FyX =FyUSV. (40)

Given the fact that the periodic time shift matrix can be
diagonalized by the DFT matrix, i.e.,

Iy =FID%
the FST-AF can be further written as
Arst (k, q) = vec (X)" (D3, 4 @ TN ) vee (X)
= vec (X)" vec (35, XD},
— vec (F4Xer)" vec (FYDy 4 XerDj; )
= Tr (Dy x XFr D}y , XHr)
= VMNEL o Xer| farg11-

By noting (42), the FST-AF may be naturally represented in
a matrix form as

+EN, (41)

(42)

Apst = FI X [P Fy, (43)
with its (n, m)-th element being
apm = ApsT (n—1,m — 1) (44)

Remark 1. The formulation in (42) admits a clear inter-
pretation. Under the FST representation, where the fast-time
Doppler shift is assumed negligible, the delay and Doppler
contributions become decoupled and act only along the fast-
time and slow-time axes, respectively. This corresponds to a
small-Doppler approximation of the DP-AF. In this setting,
the delay-Doppler plane serves as the Fourier-dual domain
of the frequency-slow-time representation in the 2D-DFT
sense. Since the AF can be interpreted as the two-dimensional
circular self-convolution of the delay-Doppler-domain signal,
it follows that the AF is equivalently obtained by taking the
2D-DFT of the squared magnitude of the FT-domain signal.

Again, due to the random nature of the FST-AF, we are
interested in characterizing its EISL and ESL. The expectation
of the squared Frobenius norm of A can be calculated as

2
E (HAFSTH%) — MNE (HF% IFyUSV|? FMHF>

2
e (|ienusvE|) - 2 (1S V)
(45)

where the expectation is over the random symbol matrix S.
Accordingly, the ESL of the FST-AF is

E (|Arst (k,q) |*) = E(|art1,g+1]%)

2
= MNE (‘f}@{m |FNUSV|2fM7q+1‘ ) , (k,q) #(0,0).

(46)
The EISL is therefore given by
N—1N-1
EISLest = Y | Y E(lArst(k, 9)*) — E(|Arst(0,0)]%)
k=0 ¢=0
= E (lArst ;) — E(laraf?), 7)

where the expected mainlobe level is

E(|Apst(0,0)*) = E(la11[*) = M*N?+(k—1)MN. (48)
ITI. STATISTICAL CHARACTERIZATION OF THE DP-AF
FOR RANDOM COMMUNICATION SIGNALS

In this section, we derive the closed-form expressions of
the EISL and ESL of the DP-AF for random communication

signals, and further establish several fundamental properties of
the DP-AF.

A. Main Results
Let us first investigate the invariance of the EISL for DP-AF.
Proposition 1 (Invariance of EISL). For all constellations and

modulation schemes, the normalized EISLpp is a constant
value N — 1.

im0 Lgmo Bl Ape(k 0)) ~E(Ape(0,0)")
E(|App (0,0)]%) '
(49)
Proof. According to (24), the volume of the DP-AF is
—1N-1
Z Z |App (K, )]
J;—l N-1
=N Z xAJL  Diag(x)fxn g 11f0 g+1D1ag(x")I N px
k=0 ¢=0
N-1
=N (Iyix)?Diag(x)Diag(x*)J n 1x
k=0
N—1
= NxT Z Diag(Jn %) Diag(J v 1)
k=0

= N|x[|3 = N [App(0,0)|*. (50)

It is observed that the volume of DP-AF is N times that of its
mainlobe, which directly follows from the invariance of the

volume of Woodward’s AF [23]. Then we have
EISLpp = (N — DE(|App(0,0)[?)

=(N*-N)(N+r-1). (51)

Therefore, EISLpp remains invariant regardless of the modu-
lation waveforms employed. |



According to Propositon 1, communication-centric ISAC
signals constructed by arbitrary constellation and modulation
basis yield the same normalized EISLpp. In such a sense, no
optimal waveform exists in terms of minimizing the summa-
tion of all the ESL.

We next derive a closed-form expression for the average
squared DP-AF.

Proposition 2. The closed-form expression of the average
squared DP-AF is

E(|App (k,a)I")

N
=N+ (Ii — 2) Z ‘ufDNquNﬂkun‘g + N25k705q70. (52)
n=1

where (k,q) € Z3;.
Proof. See Appendix A |
According to the Cauchy-Schwarz inequality, we have
[u DIt < ua* Doy T | = 1.

This implies
N
0< > Dy Iyl <N,

n=1

(53)

which indicates that for sub-Gaussian constellations (k < 2),
the ESL of the DP-AF is bounded by

(k— 1) N <E(App(k,q)|*) <N, V(k,q) # (0,0). (54)

Since the kurtosis can be made arbitrarily close to 1 through
constellation shaping [40], the lower bound can in principle
be made arbitrarily close to zero. Moreover, note that

U DN InsU| 5 = N, (55)

and that uf Dy ¢J N ru, corresponds to the nth diagonal
element of U”Dy ,Jn ,U. It then follows that the lower
bound in (54) is achieved if and only if Dy ,Jn 1 is diago-
nalizable by U. Two trivial examples here are the matrices set
{DN=qJN=0}quN and {DN=0JN7k}k€ZN’ which are respec-
tively diagonalized by U = Iy and U = FZ. This implies
that the SC and OFDM waveforms achieve the minimum
ESL at the zero-Doppler and zero-delay cuts of the DP-AF,
respectively.

We now examine how these lowest sidelobes are distributed
over the delay-Doppler domain under different waveform de-
signs. Since no orthogonal waveform can minimize the overall
EISL of the DP-AF, a more meaningful question is whether
one can design a waveform that minimizes the sidelobe level
within a prescribed delay-Doppler region. As illustrated by the
SC and OFDM examples above, such minimization is indeed
achievable when the region of interest is constrained to a one-
dimensional subset of the delay-Doppler plane, such as the
zero-delay or zero-Doppler cuts. In practical settings, however,
it is often more desirable to concentrate the lowest sidelobes
over a genuinely 2D region formed by contiguous delay-
Doppler bins. This motivates the concept of a low-ambiguity
zone [27], namely a designated connected 2D region in the

delay-Doppler domain where the waveform is designed to
exhibit minimized ESL. Waveforms constructed in this manner
may thus be regarded as “locally” optimal with respect to
the specified 2D region. As we shall see, however, even such
locally optimal waveforms do not generally exist, because the
geometry of the lowest sidelobes is intrinsically constrained by
the algebraic structure of the WH group. This is formalized
in the following theorem.

Theorem 1. Given an orthogonal modulation basis U &

U(N), define
Ou = {e-ﬂ%ﬂ G1.q[U" Gy U is diagonal, ({,k,q) € Z?VS} ,
(56)

as well as the index set

Ty = {(k,q) € Z}|Grq € Gu} - (57)
For any (a,b) € 7%, it is impossible that

(a,b), (a,(b+1)n), ((a+1)n,b)
all belong to Iy simultaneously.
Proof. See Appendix B. |

Theorem 1 suggests that no orthogonal waveform can simul-
taneously minimize the sidelobe levels over a 2 X 2 region in
the delay-Doppler domain. Consequently, it is impossible for
any waveform to generate a valid low-ambiguity zone pattern
that achieves the minimal ESL in any specified 2D compact
region over the delay-Doppler plane.

We further show that, for any waveform U, the number of
lowest sidelobes in the DP-AF does not exceed N — 1, which
follows from the proposition below.

Proposition 3. Given an orthogonal modulation basis U &€
U(N), it holds that

Card (Zy) < N. (58)
Proof. See Appendix C. |

Proposition 3 indicates that at most N delay-Doppler
matrices are diagonalizable by U. By noting the fact that
Go,o = Iy € Gy contributes solely to the mainlobe, i.e.,
(0,0), the remaining elements in Zy correspond to at most
N — 1 lowest sidelobes.

Next, we use the following proposition to characterize
the distribution of these minimum sidelobes over the delay-
Doppler plane.

Proposition 4. Any three points in the index set Iy are either
collinear modulo N, or form a triangle with an area no less
than N/2.

Proof. See Appendix D. |

Remark 2. In a nutshell, Theorem 1, Proposition 3, and
Proposition 4 reveal a fundamental limitation in shaping the
DP-AF sidelobe pattern. Theorem 1 rules out the possibility
of an orthogonal waveform that attains the minimum ESL
over any 2 x 2 delay-Doppler block, thereby excluding the
existence of a concentrated low-ambiguity zone. Proposition
3 further shows that, for any modulation basis U, there are



at most N — 1 lowest sidelobes in the entire delay-Doppler
plane. Proposition 4 then constrains their geometry, implying
that these minimum sidelobes must either lie on a single mod-
N line or be highly dispersed in the sense that any three non-
collinear points enclose an area of at least N /2. These results
jointly indicate that no waveform can globally minimize the
ESL of the DP-AF, nor can one concentrate the minimum
sidelobes over a compact 2D region. At best, the minimum
ESL can be attained along a one-dimensional cut (such as
zero-delay or zero-Doppler cuts) or within a set of widely
separated delay-Doppler bins.

B. Case Study

In this subsection, we derive closed-form expressions for
the average squared DP-AF corresponding to four representa-
tive communication waveforms. These results provide further
quantitative evidence supporting the conclusions discussed
above.

1) Average Squared DP-AF for OFDM:
Corollary 1. The average squared DP-AF of OFDM is
2
E (]ASEDM(k, q)| ) =N+ (k—2)N6y0+ N?3k004.0-
(59)
Proof. By letting U = F it is straightforward to see that

N 2
Z ‘uyl;IDN,qJN,kun‘ =

n=1

. 2
= Tr (|FxD  FADx FrFH|)

—Tr (|FaDx FED 4"

Tr (yUHDN,qJMU\z)

= Tr (|JN,qD}*V7k|2) = Négo. (60)
Substituting (60) into (52) yields (59). |
The average squared zero-Doppler slice of OFDM is
(}AOFDM 0)|2) — (K~ 1)N. 61)
The average squared zero-delay slice of OFDM is
(\AOFDM ,q)f) — N (62)

Moreover, the ESL of OFDM, excluding the zero-Doppler and
zero-delay slices (k # 0, q # 0), is given by

E (JASEPY (k,0)|*) = . (63)
As indicated in the previous discussion, for sub-Gaussian
constellations (1 < k < 2), the N — 1 lowest sidelobes
are all placed in the zero-Doppler slice of the DP-AF of
OFDM. This is consistent with the results in [38], that CP-

OFDM achieves the lowest average ranging sidelobe among
all orthogonal waveforms with CP.

2) Average Squared DP-AF for SC:
Corollary 2. The average squared DP-AF of SC is

E (\A%%(k

Proof. Let U = Iy. It follows that

=Q)\2) =N+ (k= 2)Nbgo + N?0k,0040- (64)

N 2
> |uf Dy Iy pun|” = Tr

n=1

which results in (64). |

(lDN,qJN,k|2) = Noy,0,

The average squared zero-Doppler slice of SC is

2
E (\A%%(k,o)\ ) —N. (65)
The average squared zero-delay slice of SC is
2
E(|455(0,0)]") = (s = DN (66)

The ESL of SC, excluding the zero-Doppler and zero-delay
slices (k # 0,q # 0), is

E (|A%%(k,q)}2) — N

In contrast to the OFDM modulation, for sub-Gaussian con-
stellations, SC achieves the lowest Doppler sidelobe levels.
3) Average Squared DP-AF for OTFS:

(67)

Proposition 5. The average squared DP-AF of OTFS is

(‘AOTFS ,q)]Q)

=N+ (K=2)N-0kyn,.0 Ogyn,.0 T N0k 00g0.  (68)
Proof. See Appendix E. |
The average squared zero-Doppler slice of OTFS is
E (JABE™S(h,0)*) = N+ (k= 2N - g0 (69)
The average squared zero-delay slice of OTFS is
E (yABEFS(o, q)f) — N+ (k= 2)N-3ig)n, 0. (70)

Excluding the zero-Doppler and zero-delay slices, the ESL
(k #0,q # 0) of OTFS is

E (JABF™ (k,0)|") = N+(=2)N 0441y, 0-0(g)wy 00 (71

It is worth noting that the N — 1 lowest sidelobes together
with the mainlobe are generally placed over an Nj X Nj
uniform grid in the DP-AF of the OTFS waveform. For any
set of four nearest sidelobes, their delay-Doppler indices are
either collinear or form a rectangle whose area equals N.
Consequently, any three nearest sidelobes that are not collinear
form a triangle of area N/2, which is consistent with the result
in Proposition 3.
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Fig. 1. The average squared DP-AF of OFDM, SC, OTFS and AFDM
waveforms with N = 64 under 16-QAM constellation.

4) Average Squared DP-AF for AFDM:
Proposition 6. The average squared DP-AF of AFDM is
(‘AAFDM( 7q)’2)
=N+ (k= 2)N - §iaNker—gyn 0 + N20k,00g0.  (72)
Proof. See Appendix F. |

Accordingly, the average squared zero-Doppler slice of
AFDM is

E (JABEPM (k,0)[*) = N + (5 = 2N - Sawkesyor (73)
The average squared zero-delay slice of AFDM is
E (JABE™M(0,0)°) = N.
The ESL of the remaining sidelobes (k # 0, ¢ # 0) of AFDM
is
2
E (JASEPM (5, )|”) = N+ (k= 2)N - Sonke—gyw0 (75)

It follows from (72) that, for AFDM, the locations of the
lowest sidelobes are determined by

(74)

(¢q—2Nci- k), =0, (q.k)€Zy (76)

which represents a line modulo N in the delay-Doppler
domain with slope 2N¢; € Z. Since k traverses all values
in Zy, the line (76) contains exactly NV lattice points in Z?\,,
one of which corresponds to the mainlobe at (0,0). Hence,
the AFDM waveform exhibits N — 1 lowest sidelobes in the
average squared DP-AF. Moreover, by basic planar geometry,
any three nearest non-collinear lattice points on this line form
a triangle with area N/2.

Remark 3. Fig. 1 illustrates the average squared DP-AFs of
the four waveforms under comparison, adopting a standard 16-
QAM constellation with kurtosis k = 1.32. The ESL values
are normalized with respect to the average mainlobe level. The
number of random symbols is set to N = 64. For the OTFS

waveform, we adopt Ny = 4, N» = 16, and for the AFDM
waveform, we use ¢; = z5,c2 = 5. As predicted by the
theoretical results, the ESL of all DP-AFs are binary valued:
The low sidelobes correspond exactly to those delay-Doppler
matrices that are diagonalizable by the respective modulation
basis. Moreover, each DP-AF contains exactly 63 such low
sidelobes. These sidelobes are either aligned along a line, or,
if not collinear, any set of three sidelobes encloses a triangular
region with area at least 32.

Remark 4. It is worth noting that the above discussion
on DP-AFs primarily concerns waveforms modulated with
sub-Gaussian constellations, which are more commonly used
in modern wireless systems. For completeness, we mention
that the normalized EISL remains invariant under super-
Gaussian constellations as well. However, in contrast to the
sub-Gaussian case, the delay-Doppler matrices that are di-
agonalizable by the modulation basis now yield the largest
ESL. This follows directly from the bounds in (54): when
K > 2, the lower and upper bounds reverse. As a consequence,
one still cannot construct a compact low-ambiguity region for
waveforms modulated carrying super-Gaussian constellation
symbols.

IV. STATISTICAL CHARACTERIZATION OF THE FST-AF
FOR RANDOM COMMUNICATION SIGNALS

In this section, we characterize the EISL and ESL of the
FST-AF for random communication signals, and then establish
the optimality of OFDM and OTFS under sub- and super-
Gaussian constellations, respectively.

A. Main Results

Let us first express EISLrst and the average squared FST-
AF in closed forms.

Proposition 7. The EISL for FST-AF is given by

EISLpgt = M?N? — MN
+(=2)MN ([VT @ FyU[;-1). @)
Proof. See Appendix G. |

Proposition 8. The average squared FST-AF is
E (|AFST(k, q)|2) = MN + M2N26; 08,0
+ (5= 2) MN [V g g | [O7BR | 08)
where k € Zy and q € Zyy.

Proof. See Appendix H. |

B. Case Study

We now proceed to analyze the squared FST-AF of four
representative communication waveforms, namely, OFDM,
SC, OTFS, and AFDM.



1) Average Squared FST-AF for OFDM:

Corollary 3. The average squared FST-AF of OFDM and the
corresponding EISL are respectively given by

E (JAGERM (k. )|") = MEN260640 + (5 — 1) MN,
(79)
EISLEPM = MN(MN —1)(k — 1). (80)

Proof. For OFDM, we have U = F&
which into (77) directly leads to

and V = I, taking

EISLREPM

= M?N? = MN + (k= 2) MN (||l @ FNFR||; - 1)

= M?*N? — MN + (k—2)MN (MN —1)

= MN(MN —1)(k—1). 81)
Moreover, we have

[V B8
=1, (82)

which results in (79). |

In contrast to its DP-AF counterpart, the average squared
FST-AF of OFDM exhibits a constant ESL across the entire
delay-Doppler domain, i.e., (k — 1)M N. We will later show
that, for sub-Gaussian constellations, OFDM attains the min-
imum achievable ESL of the FST-AF among all orthogonal
waveforms.

2) Average Squared FST-AF for SC:

Corollary 4. The average squared FST-AF of SC and the
corresponding EISL are respectively given by

2
E (|45 (k. )"
= MN + M?N?6;,004.0 + (k — 2) M Ny,
EISLESt = M2N? — MN + (k —2) MN (M —1).

(83)
(84)

Proof. In such a case, we have U = Iy and V = I;. Taking
U and V into (77), the EISL of SC is

EISLSS,
= M2N? — MN + (s — 2) MN (||IM ® FyIy|!— 1)

= M?N? — MN + (k—2) MN (M —1). (85)
Taking U and V into (78), we have
2 o 2 HpH|? 2
NG [ b ]
1 2
= |fir gl | 5 IvINEN 1| = Oko, (86)
which leads to (83). |
The average squared zero-Doppler slice of SC is
E (|ARS2(k,0)[*) = MN. (87)
The average squared zero-delay slice of SC is
E (| 43:(0,0)]") = (5 — 1)MN. (88)
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The ESL of remaining sidelobes of SC can be expressed as

E (|45 (k,0)]*) = M, (k,q) # (0,0).

By comparing (83) with its DP-AF counterpart in (64), it
can be observed that the two AFs for the SC have exactly
the same shape in an average sense. In particular, they both
exhibit lower ESL in the zero-delay slice, whereas the ESL
values of all other delay-Doppler bins remain the same.

3) Average Squared FST-AF for OTFS:

Corollary 5. The average squared FST-AF of OTFS and the
corresponding EISL are respectively given by

(89)

(, AQTES (. q)f) = MN + MN(MN + r — 2)84,004.0,
(90)
EISLSES = MN(MN —1). o1

Proof. For OTFS modulation we have U = Iy and V = F1I,
substituting which into (77) yields

EILSR4L>

= M?N? — MN + (k —2) MN (HF?W (X)FNINH;L - 1)

=MN(MN —1). (92)

Furthermore, it can be verified that

2 9 2
IV i 178
2 2
H MlMl mEhr g Nlquj\}fN,kJrl = 01,004,0-

(93)
Plugging the above equation into (78) leads to (90). |

An interesting observation is that, for OTFS, the ESL is
a constant M N regardless of the employed constellation,
since the kurtosis of the constellation contributes solely to the
mainlobe.

4) Average Squared FST-AF for AFDM:

Proposition 9. The average squared FST-AF of AFDM and
the corresponding EISL are respectively given by

2
E (| ARERM (k. q)[*) =
M?N?61,00q,0 + MN + (kK — 2)MN - §iane,ky w00 (94)
EISLagt™ = (M¢ — 1)(k — 1)MN + (N — ¢)M>N,
95)

where ¢ = gced (2Ncy, N) is the greatest common divisor
between 2N c1k and N.

Proof. See Appendix 1. |

The average squared zero-Doppler slice of SC is

2
E (| ARERM (k,0)[*) = MN + (5 = 2)MN - Saxeipy 0
(96)
The average squared zero-delay slice of AFDM is
& (| AMER(

,q)|2) — (k—1)MN. 97)
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Fig. 2. The average squared FST-AF of OFDM, SC, OTFS and AFDM
waveforms with N = 64 and M = 20 under 16-QAM constellation.

The ESL of remaining sidelobes of AFDM (k # 0, ¢ # 0) can
be expressed as

E (| AREPM (b, )|") = MN + (5 = 2)MN - doxeipyn 0
(98)
Remark 5. Fig. 2 illustrates the resulting average squared
FST-AF for the four modulation schemes under 16-QAM
constellation with N = 64 and M = 20. For AFDM, we set
¢1 = 15 and ¢; = §. Unlike the DP-AF case, the FST-AF does
not exhibit invariance in its normalized EISL. This indicates
that the waveform can, in principle, be optimized to reduce
the EISL as well as the ESL globally. In what follows, we
establish the optimality of OFDM and OTFS for sub-Gaussian
and super-Gaussian constellations, respectively.

C. Optimal Signaling Schemes under FST-AF Regime

Theorem 2. OFDM and OTFS achieve the lowest EISLypgt
under sub-Gaussian and super-Gaussian constellations, re-
spectively.

Proof. For sub-Gaussian constellations (k < 2), the EISLpgr
minimization problem is equivalent to

V" @ FyU|,, (99)

max
Uel(N),Veu(M)
where the maximum is attained if V7 @ FxU = Iy [38].
This can be realized by letting

V=1Iy, U=FL (100)

which corresponds to the OFDM waveform.
For super-Gaussian constellations (x > 2), the EISLpgr
minimization problem becomes

V" @ FyU|,, (101)

min
UEU(N),VeU(M)
where the minimum is attained if all the entries of VI &
F n'U have constant modulus [38]. In such a case, an achieving
strategy would be

V=F U=1Iy, (102)
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which is an OTFS waveform. Completing the proof. |

Furthermore, a stronger result for the optimality of the
OFDM and OTFS can be established based on the following
theorem.

Theorem 3. OFDM and OTFS achieve the lowest ESL at
each delay-Doppler bin over the FST-AF for sub- and super-
Gaussian constellations, respectively.

Proof. See Appendix J. |

Remark 6. We note that the above optimality of OFDM
and OTFS can be regarded as a two-dimensional extension of
the findings in [38], which show that OFDM and SC yield the
lowest average ranging sidelobe levels under sub-Gaussian and
super-Gaussian constellations, respectively. The analogy stems
from the fact that, within the FST-AF framework, OTFS can
be seen as the Fourier dual of OFDM under the 2D signaling
schemes, just as SC is the 1D Fourier dual of OFDM.

V. CONCLUSIONS

This paper investigated the ambiguity properties of random
communication-centric ISAC waveforms through a unified
treatment of the discrete periodic ambiguity function (DP-
AF) and the fast-slow-time ambiguity function (FST-AF).
By modeling signals generated from arbitrary orthonormal
modulation bases with i.i.d. constellation symbols, we derived
general closed-form expressions for the expected sidelobe
level (ESL) and the expected integrated sidelobe level (EISL).
These formulas were then specialized to four representative
modulation schemes, namely, SC, OFDM, OTFS, and AFDM,
to quantify how waveform structure and constellation statistics
shape the ambiguity behavior.

For the DP-AF, we showed that the normalized EISL is
invariant across all orthogonal modulation bases and con-
stellations, as a direct consequence of the volume invari-
ance of Woodward’s classic AF for deterministic signals.
Beyond this integrated metric, a group-theoretic analysis based
on the finite-dimensional Weyl-Heisenberg representation re-
vealed stronger structural limitations. In particular, under sub-
Gaussian constellations, no orthogonal waveform can attain
the minimum ESL over any compact two-dimensional delay-
Doppler region. The lowest sidelobes can appear only along
a one-dimensional cut, such as zero-delay or zero-Doppler
slices, or at a finite set of well-separated delay-Doppler bins,
with at most N — 1 such minima. These results rule out both
globally and locally optimal low-ambiguity zones in the DP-
AF framework, even though the EISL itself is fixed.

Under the FST-AF formulation, the situation is more fa-
vorable for waveform optimization. The EISL and ESL now
depend on both the modulation basis and the kurtosis of
constellations. Within this regime, OFDM is optimal for sub-
Gaussian constellations, while OTFES is optimal for super-
Gaussian ones. Both waveforms minimize not only the EISL
but also the ESL at every delay-Doppler bin. This two-
dimensional duality between OFDM and OTES parallels ear-
lier one-dimensional ranging results for OFDM and SC, and
highlights how Fourier-domain structure and symbol statistics
jointly determine ambiguity performance.



Overall, the presented framework clarifies the fundamental
limits and opportunities for using random communication
waveforms for sensing. Future work may extend these method-
ologies to ISAC signaling schemes with nonlinear modulation
and non-i.i.d. constellation symbols.

APPENDIX A
PROOF OF PROPOSITION 2
Let B= U = [by,by,...,by], we have
|ADp(k g = [x13% Dy x|* = |s"BI% Dy BYs|”

2
= Z SHb(N—k-l—n}Nbr}zIS ’ eij%rq(nil)

n=1
= b ss by kny DIy S5 Dpe I F AT
o (103)
By denoting § = vec(ss?) = s* ®s, it follows that
biss™ b kinyy = (Bly_iinyy @IS (104)
DIy 58! = 87 (b?N-k+m>N ® bm) . (105)

This implies that
E (bfssHb<N_k+n>N bg\,_k+m>N ssHbm)

= (BTy iy @ DI ) E(557) (Bix_ sy @) -
{106)
By using [38, Proposition 1], E (ss”) may be decomposed as

E(88") =Iy2+S1 + 8o, (107)

where
81:Diag([H—Z,O%,n—2,0%,...,/{—2}T), (108)
Sy = [h,0n2yn, hy oo b, O v, b | (109)

with 02 v being the all-zero matrix of size N? x N, and

h=[1,0%,1,..,1,0%,1]". (110)
By noting bZb,,, = §,, ., we have
(b<TN )y @ by (BN —ktm)y @ bm)
= DN tn)n PINktm)x P P = O, (111)

(b<TN—k+n)N ®b )Sl( (N—k+m)n ® b )
- (’{ - 2)1T(b(N—k+n)N © bn © b(N—k-‘,—m}N © bm)v
(112)

(b,(TN—k-l—n)N®b )SQ( (N— k+m)N®b )

= 1" (b(v—ktnyn ©b3) - 1T (B{y_jpmyy © bm) = k0,
(113)

Combing (111) (112) and (113), we arrive at
(|ADP(k q Z5mne JNq(n m>+(/€—2)><

2 10

b5 O by © by F
+ Zék,Oe i%Fq(n— m)

n,m

N kJrn

(114)
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The first term of (114) is

(n—m)

Zamne i%Fa = N. (115)
The third term of (1 14) is
= N?0k,004.0- (116)

E 5 pe I aln—m)
n,m

Furthermore, by noting B = U# and thereby by ,, = u;i,e,
one may obtain

Z lva(b(N_kerN O by, ObiN_jpmyy © bm)e*j%{q(nfm)

n,m
2

(N —ktn)n Vi n€

= an

2

Il MZ Il M2

- 27
* —J5Fqn
E U(N —k+n)n £Un, € ° N
n=1

=1

N 2
Z ‘ufDNﬂJN,kun‘ .

n=1

| fJ%,kD}K\/,quf‘z =

I
Mz

~
Il
—

(117)

Substituting (117), (116), and (115) into (114) leads to (52),
which completes the proof.

APPENDIX B
PROOF OF THEOREM 1

We prove this theorem using group-theoretic arguments. To
proceed, we establish the following lemma.

Lemma 1. Ler U € U(N) be an arbitrary unitary matrix.
Then, the set Gy constitutes an Abelian subgroup of H(N).

Proof. Let A,B € Gy. Since U”AU and UPBU are
diagonal, they commute. Hence,
AB = UU”AUUfBUUX

= BA

= UUufBUU” AUUH
(118)

which proves that all elements in Gy commute. Next, we
verify the subgroup properties of Gy .
1) Closure: For any A, B € Gy,

UfABU = UYAUUYBU, (119)

which is again diagonal. Since AB € H(
AB € Gy.

2) Associativity: Associativity follows directly from the
associativity of matrix multiplication.

3) Identity and Inverse: The identity element Iy € G(N)
is diagonalized by any U, and hence belongs to Gyy. Moreover,
note that all elements in 7 (V) are of full rank. Given A € Gy,
we have

N), it follows that

-1

UYA'U = (U”AU) (120)

is also a diagonal matrix. Therefore, for any element of Gy,

its inverse element also belongs to Gy.
Thus, Gy is a subgroup of H(N), and all of its elements
commute. Therefore, Gy is an Abelian subgroup of H (V).
[ |



We now show that for any (a, b) € Z3,, it is impossible that

(a,b), (a,(b+1)n), ({a+1)n,b) (121)

belong to Zy; simultaneously. We prove this by contradiction.
Suppose that the three elements all lie in Zy;. Then the matrices
in the set
Q:= {eﬂ%ﬂGa,b, ' Gy a1y v eﬂ%ﬂGwH)N,b}z ;
€

(122)
are all diagonalizable by U, implying that Q C Gy.

Since Gy is a subgroup of H(N), it is closed under
inversion. Note that

e INF G, =V VR G, e QC Gy,  (123)

e IR Gy = VDTG, € Q CGu. (124)
Therefore,

VR G egy, VG, EGu. (129

By recalling the non-commutation relation (16), for any ele-
ments G, , and G, 4, it holds that

j2mgqgm
GrnGpg=DnndNmDngIny =7 G

m+p,n+q-
(126)
This indicates that
I F Gy = ej(a+1)%”G;})Ga7<b+1>N € Gu, (127)
and . .
¥ Gro=e/ TG, Glar)yp € Gu. (128)

Since ej%ﬂGo_,l, eI G o generate H (N), and Go o € Gu C
H (N) as the identity element, it follows that all the ele-
ments of H(N) can be obtained by the multiplications of
e/ Go.1,e7 ¥ Gy, and Go . Hence one must have

Gu = H(N).

However, H (V) is not Abelian, whereas Gy is shown to be an
Abelian group, leading to a contradiction. As a consequence,
the three elements in (121) cannot all belong to Zy; simulta-
neously. This completes the proof.

(129)

APPENDIX C
PROOF OF PROPOSITION 3

Let us consider the space of all NV x /N complex matrices, de-
noted as CV*¥ | which may be viewed as an N2-dimensional
Hilbert space equipped with the inner product:

(A,B)=Tr (A"B), A ,BeCV*V. (130)
It is straightforward to verify that, for all (k, q), (m,n) € Z%V,
<kaQ’ Gm,”) = 6k,m6q,n- (131)

Hence, {Gy,q} (k,q)ez2, forms an orthogonal basis of CV* V.
Since U is unitary, it can be readily shown that

(UY Gy, U, UGy, U) = 61, mbgn, (k. q), (m,n) € Z3,

(132)
which indicates that {UHGk,qU}(k,q)ezfv is also an orthog-
onal basis of CV*V,

13

Let D(N) € CN*N denote the subspace of all diagonal
matrices, which has a dimension of /N. By the definition of
Gu, we have

U7G,,UeDN), (kq)€Tu. (133)

Moreover, it follows from (131) that

(U"Gy, U, UG, U) = 0k mbgn, (K, q), (m,n) € Ty.

(134)
Thus the set {U” Gy, ;U} 1, g)ezy is a collection of mutually
orthogonal non-zero vectors contained in D(N). In any N-
dimensional inner product space, there can be at most N
orthogonal non-zero vectors. Therefore we have Card (Zy) =
Card ({UHGk,qU}(k,q)eIU) < N.

APPENDIX D
PROOF OF PROPOSITION 4

By recalling the non-commutation relation (16), for any
elements G, ,, and Gy, g4, it holds that

j2maqgm
Gm,nGp,q =e Gm+p,n+q7 (135)
GpyGmn =€ ¥ Gruppnia- (136)

This implies that G, ,, and G, , commute if and only if the
symplectic form

w{(m,n),(p,q)} = (np —mg)n = 0. (137)

Let a = (al, ag) ,b = (bl, bg) ,C = (Cl, Cg) be three
elements in the index set Zy. By the closure of Gy, it holds
immediately that b — a € Zy and ¢ — a € Zy. Recalling that
Gu is Abelian, the points b — a and ¢ — a must satisfy (137).
Thus, the area of the triangle formed by the three points a, b, ¢
may be computed by

1 k
A = — — _
abc 2 | a)' 9
Hence, if £ = 0, the three points are collinear. Otherwise, they
form a triangle with an area at least %

w (b keZn. (138)

—a,c

APPENDIX E
PROOF OF PROPOSITION 5

For OTFS waveform, its modulation basis U = Ff,l ® In,
may be expanded as

IN2 Iy, IN2
227 - 27
U= 1 IN2 8JN711N2 8JW(N1_1)1N2
VN1 | : : : ’
o om 2
Iy, 6‘71%_1(1\[1_1)11\[2 6‘712\’_1(N1_1) Iy,
(139)
where
1
u, =

. . T
T JE=(v=1) AT j25 (v—1)(N1—1) AT
[1,0N2,1,e AL of @R 0% ],
4

(140)



with v = [g-1. Furthermore, note that

N 2
Z ‘ufDN_,qJNykun‘

n=1

N
= Nf{l 11 | Diag(

n=1

(141)

According to the structure of u,,, we have

Diag(u))J n xuy = eij?V_q(071)%1)1&%(“;)11715(1@)1\72,0-
(142)
Plugging (142) into (141) yields
Diag(u;;)JN7kunufJ%7kDiag(un)
= Diag(u},)u,u)/ Diag(u,)d ), 0, (143)
where
Diag(u))u,
1 T T T
— EJM(”,DM [1,0%,-1,1,0%,_1,.... 1,08, _4]
1
— vt (L © (1,08, 1)
1
- (1N1 © I n1, [1,0}@2_1]T) . (144)
Accordingly, the following result follows directly
Diag(u’ )u,u? Diag(u,,)
1
-3 w1k, @ Diag (I, (n1)x, [1,0%, 1]7) . (145)
It then follows that the summation term is given by
Z Diag(u})Jn runu,; JN wDiag(uy,)
(146)
1
= ﬁl(lNl,Nl @ INg )0 (k) ny 0-
Plugging (146) into (141) yields
N

fo\}()qﬂ Z Diag(

n=1

HZ)JN,kunufJ;{/,kDiag(un)] fN g1

N

= Efﬁ,qﬂ (Iny,5 ®IN,) 8,0 110 k), 0 (147)

where the nth element of f ]{,I gr1 (1N 1%, ®Iy,) is calculated
as

Nlej%’qm*l)w(;( Vo 0

Z (i Ea(m—1)N; _ D,
VN

Thus, the value of fN7q+l(1N1_’N1 @ In, )N g1 is

eJNqn )Ny

Z M I aln- 1>N26 0% 1 eI aln=1)

\/N

n=1
= N15<q>N1-,0'
Combing (148), (147), and (52) leads to (68).

Dng =i 5 ‘1("*1)6< )y 0

(148)

u:‘l)JN_’kunufJJTV’kDiag(un) N ,g+1-
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APPENDIX F
PROOF OF PROPOSITION 6

Let U = AYFHA the n-th column of U is

c2?
u, = 2D A gy (149)

Plugging (149) into (52), we can arrive at

N 2
Z ‘ufDN,qJN,kun‘

n=1
N

Z ’fN ZA-C1DN qJN kAclfN Z‘

‘ 2

I
M= 1

’(Cl O fni) Dy TN k(e © fni)*

n=1

N
’dZDN,qJN,kd:;f = Z ’d,I;ID}K\[’qJN)kdnﬁ s

I
WE

n=1 n=1
(150)
where d,, = ¢,, ® f,,, and the m-th element of d,, is
1 or P 2
Aoy = ——e I W [(n=1)(m=1)+5(m-1) ]7 151
: JN (151)

where p = 2N¢; € Z. Furthermore, (150) can be simplified
to (152), where \ € Zy. Substituting (152) into (52) leads to
the average squared DP-AF of AFDM in (72).

APPENDIX G
PROOF OF PROPOSITION 7

For convenience, let us denote

vec (Xpr) = (VI @ FyU) s 2 Q's, (153)
where s = vec (S) € C¥M and Q = [q1,q2, ..., qnn] is a
size-N' M unitary matrix. By recalling (45), we have
E (|| Arst|}) = MNE (|[FxUSVI})
4 e 4
— MNE ([[Q7s|[;) = MN Y E(laffs|") . (154)
n=1
Expanding |qf s]z yields
2
lai's|” = a;ss"a, = (a;, @ q;) vec(ss™)
=vec” (ss")(q;, ®q,).  (155)
Accordingly,
NM )
E (IIAH?) =MNY (af @q)S(q} @qn), (156)
n=1

where S = E {vec (ss) vec” (ss™)}, which can be again
decomposed as [38]

S=TIy2n2+S1+8So. (157)

Here,

S, = Diag ([n — 2,00k — 2,00 0,k — 2]T)

3

(158)
Sy = [flaOM2N2><MN7}~17---7B70M2N2><MN7}~1} , (159)



N 2 N
Z ‘deiag(fN,q+1)JN,kdn| = Z

N

Z fmg+1dy, ndim—t)n 0
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2

n=1 n=1 |m=1
1 M 2
== Z Z eI FFa(m=1) L5 [(n=1)(m=1)+§ (m—1)%] ,—j 3 [(n—1) ((m—k) n = 1)+ 5 ((m—k) x —1)°]
N
n=1|m=1
1 M 2
= Z Z eI aA(m=1) | i5F(n=1)(m—(m=k)n)] | (3 5[5 (m=1)*~§((m—k)n—1)?]
N
n=1|m=1
Loy —i%a(m=1) | i Fp[(m—1)°—(m—k+AN—-1)*] 2 S —jZEq(m—1)  _—j2& (m—1)[(2Ne1(AN—k)] :
= m 7;1 mZZIG N -e’ N = m mZZIe N e /N
1| & ’
27 c _
=33 Z eI R (m=1)[2Ne1(AN—=k)+q]| _ 8(aNker—qhn 0 (152)
m=1
where Let us denote w = v/ MN (f;(/[_’m @ fn.n), and represent its

h=[1,0051,..,1,00,4,1]" (160)

By leveraging the same technique as in Appendix A, we have

(af ®@a)S(a; @an) =2+ (5 —2) laaly. (161
It follows that
E(larstl}) = 2M2N? + (n = 2) MN [QJ.  (162)

Substituting (162) and the average mainlobe level (48) into
(47) yields (77).

APPENDIX H
PROOF OF PROPOSITION 8
According to (43)
tnm = VMNEE | [FNUSV| 1y,
— VMN (£f;,, @t ) vec (|FNUSV|2)
= VMN (f];,, @ £ ) [vec (FxUSV)|?
= VMN (], @ t,) |Q"s|”. (163)
It follows that

E (|an,m|2) =MN (fJ\T4,m ® le\Lf{n) ’

H
E (‘QHS|2 |QHS‘2 ) (F3rm ® fnn). (164)

H
Now let us analyze the matrix E <‘QHS‘2 |QHS|2 ) , whose
(1, k)-th element reads

H ~
E (!quS\Q lafs|’ ) = (qf ®q")S(a; @ ax)

=41+ (k—2)qoql. (165)

k-th entry as wy, we have
NM

E (|fln,m|2) = Z (5l,k +1+(k=2)||q® quz) wiw;;
1,k
NM NM |2 NM
=S ol + D w| + Y (5= 2) [l © qil|* wiwy
=1 =1 Lk

2
:MN+‘WHINA4‘2+(I€—2)H|Q|2WH . (166)

It can be readily shown
WH].NM = \/MNf]I\{nlquA}f]w)m = NM517n61)m,
which suggests that
E (Jonml*) = MN + M2N61,061m
2
+ (r =2 MN [ |1QF (Eir,, ® ) |5 (167
where n =1,2,--- N and m =1,2,--- , M. By noting that
2
[1QF (81, @ fv.0) |

= [ (v & [ BRI (Ei 0 )

2
= v o U (6 o )
’2

the average squared FST-AF maybe rearranged as (78).

2

)

2 2
- H|V|2f1’(47mH H\UHFQ’] fxrn (168)

APPENDIX I
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By plugging the AFDM basis U = AYFHAT and V =
I, into (78), we have

2 2
[ G| 1078 |
2
= irgi | [ AcsFr A PRI frcss
2
= "‘ACQFNAch%‘2 fN,kJrlH

2 2
- H\FNACIF%| fN7k+1H . (169)



The average squared FST-AF for AFDM is
E (| ARERM (k, )|") = M2N26y, 0640 + MN
2
+(f<;—2)MNH}FNACIF%]2fN,k+1H . (170)

To proceed, let us discuss the cases of ¢; = 0 and ¢; # 0,
respectively.
1) ¢; = 0: The EISL of the FST-AF for AFDM is

M?*N? — MN + (k —2)MN(MN —1)

=MN(MN —1)(k —1). (171)
Accordingly, the ESL of AFDM is
E (|ARRM (k@) = (r= DMN, kg#0, (172

which is equivalent to those of the OFDM. This is because
AFDM reduces to OFDM when ¢; = 0.

2) ¢1 #0: Let Z = FyA., FI. The first row of |Z|? can
be calculated as

1 2 2 2

= [‘fﬁylcﬂ e per | [ e | } , (173)
Since |Z|2 is also circulant, it can be decomposed as

|Z|? = |Fn A, FE|” = FyDiag(z)FX. (174)

Consequently we have

2 . 2
H|Z|2fN,k+1H = |FxDiag(2)FNEn k1| = |Z61]?,
175)
where k € Zy. According to (173), z may be written as

i 1 T

2= VNEx ([t [t e 8 e
1

VN

which suggests that z is the periodic auto-correlation of c;.
Therefore, the kth element of Z is

Fy {(Fyc1) ® (FRe)*}

Zhp1 = NC{JNJCC’{, keZy. (176)

Consequently,

N

Z C"C?n—khv

n=1

= m
N

= i Ze—]?ﬂ'q [(n—1)2—(€N+n—k—1)2]
i=1

N
- 1 Zej27rcl [2(n—1)(EN—k)+(EN k)2

n=1

21|

2

2

2

1|
- Zej%’[QNcl(nfl)(fok)]
n=1

= 0(2Nerk) n 05 177)

where ¢ € Z is an arbitrary integer. Taking (177) into (170),
we arrive at (94).

To evaluate the EISL of the FST-AF for AFDM, observe
that the ESL equals (k — 1) M N whenever danc,kyy,0 = 1
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and equals M N otherwise. Let ¢ € Z denote ged (2Ne¢q, N).
Then

N
SaNerky w0 = 1,if and only if k = % (178)
where n =0,1,...,¢ — 1. Accordingly, among the M N — 1
sidelobes, M ¢ — 1 of them attain ESL of (k — 1) M N, while
the remaining M (N — ¢) sidelobes take the value M N, which
leads directly to (95).

APPENDIX J
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Let us revisit (78). For sub-Gaussian (x < 2) constellations,
minimizing the ESL at each delay-Doppler bin over FST-AF
is equivalent to solving the following optimization problem:

2 2 2
VP S| IO R ]|

(179)

max
UEU(N),VeU(M)

Since both V and U”F4 are unitary matrices, it is clear that
both |V|2 and ]UH F%’ are bistochastic matrices, i.e., each
of their rows and columns sums to 1. The optimality of OFDM
then follows from majorization theory and the Schur-convexity
of the /5 norm.

Given two real vectors a,b € RY, let at denote the vector
obtained by sorting the entries of a in descending order, i.e.,
a{ > aﬁ > > a%\,, and similarly for bt If

N k
Zan afl > Zbi,
n=1 n=1

we say that a majorizes b, written as a > b. A necessary and
sufficient condition for a > b is that there exists a bistochastic
matrix K such that b = Ka.

Next, note that

N k

D b D

n=1 n=1

(180)

)

2 2 2
2 px 2 R 20l
H| V| fM,q+1H = H| V]| fM,q+1H + H| V]| fM,q+1’

where fﬁ g+1 and fJ{L 4+1 are the real and imaginary parts of
fa1,q+1. It follows that

2 2
|V| f]\]},q-i—l = f]\]},q-i—l? |V| f1{4,q+1 =< f1{4,q+1' (182)

Because the /2 norm is Schur-convex and hence monotonically
ordered with respect to majorization, it follows that

2

)

2
|V|2 fJ\}?[,q-HH < Hfﬁ7q+lH2 ’
(183)

2
H IVI* £ 41 H < || €37 g1

and hence
2 s 2 . 2
|V Eir | < D5l

where the equality holds if V = Iy. By the same reasoning,
we obtain

(184)

2 2
UL ]| < Il (185)

where the equality is achieved if U = F% This corresponds
to the OFDM waveform.



For super-Gaussian (x > 2) constellations, minimizing the
ESL under the FST-AF is equivalent to
2 9 2
i VP i || [[[OTFE v |
UEL{(Nn)l,l\IlleZ/l(M) H| e il N En
(186)

To proceed, note that the matrix %1 leTv is a uniform
bistochastic matrix. For any size-N bistochastic matrix K, it
satisfies

1 1
NlleTvK = NlleTv- (187)
Thus,
1 T x7|2 g 1 T ex
M]-M]-M VI a1 = M]'M]-MfM,q-i-l’ (188)
1 2 1
FININ[UTFR v s = GInIREv e (189)

Since the ¢5 norm is Schur-convex, applying the majorization
theory again yields

2 1 2
2 px *
H|V| fM,q+1H = HﬁlMlﬂfM,qH ; (190)
HwH |2 2 1 T 2
(0B | = | pantbtvnn| . aon

where the equalities are achieved if V = F{I/[ and U = I,
corresponding to the OTFS waveform, completing the proof.
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