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Abstract

Recent advances in Video-to-Audio (V2A) generation have
achieved impressive perceptual quality and temporal syn-
chronization, yet most models remain appearance-driven,
capturing visual-acoustic correlations without considering
the physical factors that shape real-world sounds. We
present Physics-Aware Video-to-Audio Synthesis (PAVAS), a
method that incorporates physical reasoning into a latent
diffusion-based V2A generation through the Physics-Driven
Audio Adapter (Phy-Adapter). The adapter receives object-
level physical parameters estimated by the Physical Parame-
ter Estimator (PPE), which uses a Vision-Language Model
(VLM) to infer the moving-object mass and a segmentation-
based dynamic 3D reconstruction module to recover its mo-
tion trajectory for velocity computation. These physical cues
enable the model to synthesize sounds that reflect underly-
ing physical factors. To assess physical realism, we curate
VGG-Impact, a benchmark focusing on object—object inter-
actions, and introduce Audio-Physics Correlation Coefficient
(APCC), an evaluation metric that measures consistency
between physical and auditory attributes. Comprehensive
experiments show that PAVAS produces physically plausible
and perceptually coherent audio, outperforming existing V2A
models in both quantitative and qualitative evaluations. Visit
https://physics-aware-video-to-audio-synthesis.github.io for
demo videos.

1. Introduction

Humans effortlessly infer physical properties of the world
from both what they see and what they hear [39], and vi-
sual information influences humans’ auditory perception due
to the audiovisual integration property [12] and prediction
mechanism [49]. For example, when a hammer strikes metal
or a ball bounces on a floor, we intuitively expect the re-
sulting sound to reflect underlying physical factors such as
object velocity, mass, and material.
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Figure 1. Physics-Aware Video-to-Audio Synthesis (PAVAS).
[Top] Current V2A models often generate physically inconsistent
audio. [Bottom] We estimate physics values (object-level mass and
velocity) from an input video using Physics Parameter Estimator,
which are explicitly integrated into a latent diffusion-based model
using Phy-Adapter to generate a physically plausible audio.

Agnostic about this, recent Video-to-Audio (V2A) gener-
ation models, including autoregressive-[35, 50, 57], GAN-
[19], and diffusion-based [22, 36, 42, 56, 58, 60, 63, 68] ap-
proaches, learn to generate audio that aligns temporally and
semantically with video content and have achieved impres-
sive perceptual quality and synchronization, especially with
the emergence of latent diffusion frameworks [10, 31, 47].
Yet, they remain appearance-driven: a model may correctly
associate a hammering motion with a “metallic clang,” but
it may fail to modulate the loudness or spectral sharpness
according to the strength and dynamics of the impact, pro-
ducing physically implausible audio. (see Fig. 1-[Top]).

We refer to this discrepancy as a lack of physical ground-
ing—implicit modeling between visual dynamics and acous-
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tic behavior. We define physics-aware audio generation as
the synthesis of sounds that not only align with visual events
but also produce sounds whose acoustic properties vary con-
sistently with measurable physical values, such as object
mass and velocities in a video. Our work aims to bridge this
discrepancy by explicitly incorporating object-level physical
cues into a V2A generation process, allowing the model to
synthesize sounds that are both perceptually coherent and
physically consistent.

To this end, we propose Physics-Aware Video-to-Audio
Synthesis (PAVAS), which integrates explicit physical rea-
soning into a latent diffusion-based generation process (see
Fig. 1-[Bottom]). PAVAS includes two key modules: (i) a
Physics Parameter Estimator (PPE) that extracts object-level
physical quantities from videos, and (ii) a Physics-Driven
Audio Adapter (Phy-Adapter), a modulation module that
injects the estimated physical parameters into the diffusion
model to guide sound synthesis. The PPE consists of a
Mass Estimator, which leverages a Vision-Language Model
(VLM) [I] to infer object mass from visual and semantic
context, and a Velocity Estimator, which combines a text-
grounded segmentation model [46] and a dynamic 3D re-
construction model [59] to recover object-level motion and
estimate velocity. Surprisingly, we find that our estimators
achieve physics value estimation performance comparable to,
or even surpassing, that of specialized expert models [5, 66],
in both the mass and velocity estimations. Through these
components, PAVAS allows the generation process to reflect
the object dynamics of real-world interactions, capturing
how object motion and mass influence the resulting sound.

Furthermore, we identify the need for an evaluation pro-
tocol that explicitly measures physical realism in video-
to-audio generation. Existing benchmarks such as VG-
GSound [6] mainly assess perceptual or semantic alignment,
and fail to capture whether generated sounds are consistent
with the underlying physical dynamics. To address this, we
curate a VGG-Impact benchmark, focusing on object—object
interaction events (e.g., collisions, impacts, or bouncing),
where physical cues play a critical role. We also present the
Audio-Physics Correlation Coefficient (APCC), which quan-
tifies the correlation between estimated physical values (i.e.,
kinetic energy) and generated audio’s attributes (i.e., spec-
tral energy), providing an interpretable measure of physical
grounding beyond existing perceptual metrics.

Extensive experiments on VGGSound [6] and VGG-
Impact demonstrate that our approach substantially im-
proves physical plausibility while maintaining high percep-
tual quality. Our model outperforms existing V2A base-
lines [8, 22, 35, 56-58, 60, 63, 68] on both VGGSound
and human evaluations, generating high-quality sounds that
are semantically and temporally aligned with video con-
tent. Further analysis on VGG-Impact shows that, unlike
prior appearance-driven models that exhibit weak or incon-

sistent correlations on PACM, PAVAS captures physically

meaningful relationships between object motion and sound,

achieving the closest APCC to ground-truth data. Our main
contributions are summarized as follows:

* We introduce PAVAS, a Physics-Aware Video-to-Audio
Synthesis pipeline that injects object-level physical param-
eters—estimated by our reliable physics estimators—into
a latent diffusion model via the proposed Phy-Adapter.

* We curate VGG-Impact, a novel benchmark for ob-
ject—object interaction sounds, and propose APCC, a met-
ric designed to evaluate the physical consistency between
visual dynamics and a generated audio.

* We conduct comprehensive analyses of existing V2A mod-
els on both VGGSound and VGG-Impact, revealing that
prior work often produce physically inconsistent sounds,
whereas our method achieves more physically consistent
and perceptually realistic audio generation.

2. Related Work

Video-to-audio synthesis Video-to-audio (V2A) gener-
ation aims to synthesize realistic sounds that are tempo-
rally synchronized and semantically aligned with video con-
tent. Recent approaches [8, 19, 36, 42, 50, 56, 60, 63, 68]
have significantly advanced this task by leveraging gener-
ative models of increasing expressiveness. Autoregressive
methods [19, 50] model sequential dependencies effectively.
Diffusion-based approaches [16, 51] further improve per-
ceptual quality and synchronization of V2A synthesis. Diff-
Foley [36] enhances alignment through contrastive audio-
visual pretraining, See-&-Hear [63] strengthens multimodal
integration, and FoleyCrafter [68] introduces a temporal
controller. Frieren [60] and MDSGen [42] reduce sampling
steps via rectified and masked diffusion, while TARO [56] in-
corporates timestep-adaptive alignment for efficiency. More
recently, MMAudio [8] is jointly trained with larger-scale
text-audio data as well as (limited) video data, establishing a
strong foundation for modern V2A synthesis.

Despite these advances, existing methods remain
appearance-driven, relying on visual-acoustic correlations
without modeling the underlying physical dynamics of real-
world interactions. Auxiliary conditioning signals such as
onsets, motion energy, or mel cues [8, 22, 56] help synchro-
nization, but these cues often produce smoothed features
that fail to capture fine-grained visual dynamics. We instead
move beyond perceptual alignment toward physics-aware
sound generation, incorporating explicit object-level physi-
cal parameters into a V2A generation process.

Physics parameter estimation from video Inferring phys-
ical properties from visual data has long been a core goal
in visual physics reasoning. Early work explore predict-
ing object dynamics and material attributes such as mass,
friction, or elasticity from visual cues or simulated interac-
tions [2, 11, 61, 65]. In this work, we focus on mass and



velocity, two quantities that directly determine the magnitude
and temporal evolution of physical events in videos. While
appearance already encodes material-related cues, mass and
velocity govern how objects move, collide, and produce
sound, enabling physically aware audio generation.

Recent advances in visual mass estimation, such as
NeRF2Physics [67], combine neural radiance fields [38]
with vision-language features [44] to infer physical proper-
ties from multi-view images. However, these methods re-
quire static, calibrated views and cannot operate on dynamic
videos. In contrast, we leverage physics knowledge em-
bedded in a Vision-Language Model (VLM) [1] to estimate
object mass from a monocular video, achieving comparable
performance while maintaining open-world generalization.
Estimating object velocity has been studied far less exten-
sively. I-MOVE [15] segments independently moving re-
gions to infer per-object velocity, while most other methods
rely on active sensors such as radar or LiDAR [24] are lim-
ited to vehicle-centric domains [17, 30]. Building on recent
progress in open-vocabulary segmentation [27, 34] and dy-
namic 3D reconstruction [59], our method estimates reliable
physical parameters from unconstrained videos, enabling
physics-aware conditioning for video-to-audio synthesis.

Injecting physics cues in video-to-audio generation Re-
cent efforts in Video-to-Audio (V2A) generation have begun
to incorporate physical-condition signals to enhance realism.
Su et al. [53] introduce a diffusion-based model conditioned
on physics priors to synthesize impact sounds from silent
videos; however, their approach is restricted to generating a
drumstick sound and therefore does not generalize to diverse
object—object interactions. Saad et al. [48] generate acoustic
profiles for indoor scenes by controlling material parame-
ters, and SonifyAR [54] proposes an AR sound-authoring
pipeline that uses contextual cues such as surface material
and interaction type to produce spatialized effects. While
these works incorporate contextual or material cues, they
are largely designed for indoor or AR-focused settings and
do not explicitly model physical factors such as object-level
mass or motion dynamics.

3. Physics-Aware Video-to-Audio Synthesis

We propose Physics-Aware Video-to-Audio Synthesis
(PAVAS), a novel approach for generating audio that is con-
sistent not only with the visual context but also with the
underlying physical dynamics present in a video. PAVAS
is based on a latent diffusion architecture and integrates ex-
plicit object-level physical reasoning to ensure the generated
sounds are physically plausible.

We first describe the diffusion-based backbone and its
multimodal conditioning interface (Sec. 3.1). We then pro-
vide an overview of the complete pipeline (Sec. 3.2), fol-
lowed by detailed descriptions of the two key modules: the
Physics Parameter Estimator (PPE; Sec. 3.3), which extracts

object-level mass and velocity from a video, and the Physics-
Driven Audio Adapter (Phy-Adapter; Sec. 3.4), which incor-
porates these physical cues into the diffusion model.

3.1. Preliminary

We formulate video-to-audio generation as a latent mod-
eling problem. First, we prepare a variational autoen-
coder (VAE) [25] pretrained on the mel-spectrogram do-
main, as well as a pretrained vocoder [32] that converts mel-
spectrograms into waveform audio signals. By combining
the VAE decoder with the vocoder, compressed audio latent
representations can be transformed into waveform signals.
Within this framework, a diffusion-based model, denoted as
fo, is trained to generate audio latent representations condi-
tioned on Y, which typically consists of video frames (and
text) in standard video-to-audio generation scenarios.

We employ a flow matching framework to train the latent
diffusion model. Let x; denote the latent variable. The
model is trained to approximate the conditional flow using
the following objective:

ECFM = ]Et,q(xU),q(xl,c) ||f0 (ta Ya Xt) - ’LL(Xt ‘XO» Xl) Hz,
ey
where t € [0,1], x; = (1 —t)Xo + tx1, and u(X¢|x0,X1) =
x1 —Xq defines the target flow velocity between the Gaussian
source and the data manifold. Minimizing Eq. (1) encour-
ages fp to smoothly transport samples from the prior toward
realistic audio latents under the given condition Y. The
diffusion model enables the generation of x; € R? from
randomly sampled Gaussian noise xo € R?, by utilizing the

learned time-dependent velocity vector field fy (¢, Y, x;).

Our approach for incorporating physical cue. For PAVAS,
we define Y as a set of multiple modalities, encompassing
not only video and text but also physical parameters. During
the latent generation process, the latents evolve from x; to
x; through stacked diffusion transformer (DiT) [40] blocks
that propagate cross-modal information from Y. In our
approach, all conditional modalities—visual, textual, and
physical—are projected into a unified hidden space through
lightweight encoders and are synchronized across diffusion
timesteps using positional embeddings. This backbone pro-
vides a stable generative trajectory and serves as the founda-
tion for introducing our physics-aware conditioning.

3.2. Overview

Figure 2 illustrates the overall pipeline of PAVAS. This
leverages a multimodal diffusion transformer architecture [8,
10, 31], consisting of transformer blocks shared across vi-
sual, textual, and auditory modalities, followed by unimodal
blocks specialized for audio decoding.

The Physics Parameter Estimator first detects all per-
ceptually moving objects in the input video and estimates
object-level, time-invariant mass and per-frame velocities us-
ing a combination of vision—language models, segmentation,
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Figure 2. Overall pipeline of the proposed Physics-Aware Video-to-Audio Synthesis (PAVAS). Given an input video, the Physics
Parameter Estimator (PPE) extracts object-level mass and velocity. These physics cues are encoded by the Physics-Driven Audio Adapter
(Phy-Adapter) and injected into the latent diffusion model alongside multimodal conditions. E, stands for CLIP vision encoder for patch
embeddings, Es for SyncFormer [20] vision encoder, E,, for CLIP vision encoder for flattened visual tokens, E; for CLIP text encoder, and
FE, for VAE/STFT-based audio encoder. Dashed lines indicate conditioning pathways, and magenta highlights physics-based conditioning.

and dynamic 3D reconstruction. Simultaneously, a vision
encoder extracts patch-wise feature embeddings, which are
converted into object-centric visual features using masks
obtained during velocity estimation. These features provide
spatial and semantic context aligned with instance masks,
supporting temporal object tracking and facilitating the in-
jection of physical parameters.

Subsequently, the Physics-Driven Audio Adapter fuses
the physical parameters with object-centric visual features
to form temporally aligned, physics-aware representations.
To ensure stable and effective fusion, we introduce a A-
modulation mechanism, which enables gradual injection of
the fused features into the multimodal transformer blocks of
the diffusion backbone. This process guides the model to
generate audio that is both perceptually realistic and physi-
cally grounded in the underlying object dynamics.

3.3. Physics Parameter Estimator

The physics parameter estimator quantifies object-wise mass
and velocity from unconstrained videos, providing a quanti-
tative link between visual dynamics and physically grounded
sound generation. Given an input video {I;}%_,, the esti-
mator identifies all moving objects O = {0;}i=1,2,... and
computes, for each object o;, a time-invariant mass m; (in
kilograms) and a time-varying velocity sequence {v? }eLz_ll
(in meters per second) in metric 3D space:

P ={(mi, {vi};/5,) | 0 € O}. @)
These quantities are estimated through a unified three-
stage pipeline: (i) Moving-object detection uses a Vi-

sion-Language Model (VLM) [1] to localize dynamic en-
tities and generate textual object-level descriptors; (ii) the

same VLM performs mass estimation based on visual appear-
ance and textual cues; (iii) a combination of text-grounded
segmentation [46] and dynamic 3D reconstruction [59] re-
covers object-centric geometry and metric-scale velocity.

Moving-object discovery. We first identify entities exhibit-
ing genuine motion, excluding apparent displacement from
camera movement. A vision-language model [1] is prompted
with instructions to define “moving objects” (see supplemen-
tary material for details). The model outputs a structured
set S = {s;}¥,, where each entry s; consists of a localized
moving object o; (e.g., “runner in striped shirt”) and its ac-
tion a; (e.g., “sprinting™), i.e., s; = (0;, a;). This text-level
representation enables open-world generalization and serves
as a semantic interface for mass and velocity estimation.

Mass estimation. For each object o; in S, physical mass
is estimated using the Vision-Language Model (VLM) [1].
Given the object name o; and action a;, a textual prompt
Tmass 18 constructed to instruct the model to infer the object’s
mass (see supplementary material for details). The prompt
and video context are provided to the mass estimator fi,ass,
yielding m; = finass (I 1:L, ﬁnass). Unlike geometry-based
methods [52, 67] that require multi-view supervision, our
approach operates directly on monocular dynamic videos and
generalizes across diverse object categories and scenes. The
resulting {m;}; values are time-invariant and later paired
with velocity sequences.

Velocity estimation. Reliable velocity estimation for
physics-aware conditioning requires metric-scale, tempo-
rally coherent per-object trajectories across arbitrary cate-
gories. However, existing monocular depth estimation mod-



els [3, 7, 18, 43, 64] do not meet these requirements: they
either lack open-vocabulary, instance-specific object han-
dling or fail to provide temporally consistent metric geome-
try, and therefore cannot yield physically interpretable object
velocities. To satisfy these requirements, we combine open-
vocabulary segmentation with dynamic 3D reconstruction,
enabling object-wise centroid trajectories in metric world
coordinates for subsequent velocity computation.

Textual object descriptors from S are used as prompts for
Florence-2 [62], which outputs bounding boxes aligned to
target classes. SAM-2 [45] refines these boxes into pixel-
accurate binary masks and propagates them across time,
yielding a sequence of object instance masks {Mf}zL:p
where M¢ € {0,1}7*W_ CUT3R [59] reconstructs dense
3D geometry for each frame /¢, producing a set of 3D points
(point cloud) P* = {p®* € R?}*  and corresponding
camera extrinsics (R, T*) under a shared world coordinate
system, where K is the number of point clouds in frame £.

Each object’s 3D extent is obtained by inverse-projecting
its 2D mask MY onto the reconstructed 3D scene. Each
pixel (h,w) in MY is mapped to its corresponding 3D point
p* via the 2D-3D mapping gi,, from CUT3R, aggre-
gating matched points into object-wise 3D points: X! =
ginv(ME, PY) = {p“F € P’ | M{(h,w) = 1}, where
k,h, and w range over 1 < k < Ky, 1 < h < H, and
1 < w < W. The centroid cf is then computed to spec-

ify the spatial position in metric 3D space for each object:

i _ 1
€ = X7 2 xext X

Given the video frame rate FPS and A7 = 1/FPS, dis-
placement and instantaneous velocity are computed as

di = ;™! =il i =di/Ar. )

The resulting velocity sequence v; provides a metric-scale
trajectory that captures object-level temporal motion for sub-
sequent physical conditioning.

3.4. Physics-Driven Audio Adapter

Physics-Driven Audio Adapter (Phy-Adapter) bridges the
physical values estimated in Sec. 3.3 with the multimodal
latent diffusion backbone, transforming per-object mass and
velocity into temporally aligned conditioning signals. It
receives three inputs at each frame ¢: (i) visual patch embed-
ding V¢ from a CLIP-ViT [21] encoder, (ii) binary mask Mf
for each object from Florence-2 [62] and SAM?2 [45], and
(iii) physical values {m;, v;} estimated from our Physics
Parameter Estimator. From these, Phy-Adapter constructs
physics conditions that are aligned with the visual feature se-
quence and include all the moving object information. Then,
we inject them into the diffusion transformer’s condition-
ing stream. This integration guides the diffusion trajectory
toward physically consistent audio generation.

Object feature extraction. The first stage of Phy-
Adapter converts raw visual patch embeddings into object-

conditioned representations that serve as the base for subse-
quent physical modulation. For each frame ¢ and detected
object o;, the module localizes the object region within the
visual feature map V¢ € R#*WxD» ysing its binary seg-
mentation mask MY € {0, 1}7*W obtained from Florence-
2 [62] and SAM2 [45]. An object-specific feature per frame
is computed via masked summation:

£ =" M[h,w] - V]h,w, ], (4)
h,w

where each patch embedding V¢[h,w,:] € RP» encodes
local appearance and motion cues. The aggregated vec-
tor f! is subsequently projected into a hidden space via an
affine linear transformation, followed by the application of a
lightweight LayerNorm, yielding h! € RP». Frames where
the object is absent or occluded are replaced by a learn-
able object-occlusion token zq;-occ eRDPn, ensuring tempo-
ral continuity and stability in the object-level conditioning
stream. The resulting set {h¢}; , provides object-centric
spatio-temporal context upon which mass and velocity mod-
ulation are subsequently applied.

Mass and velocity modulation. To condition object-centric
visual features on physical properties, both mass and veloc-
ity are processed through a similar pipeline. Scalar mass
m; is normalized via log(1 + m;) and z-score normaliza-
tion with dataset statistics (ftmass; Tmass )» While velocity vf
is z-normalized using (tivel, 0vel). Each normalized value is
expanded using Fourier feature mapping [55]:

frass.i = [ sin(2mwgpm;), cos(2mwrm;) [i_, € R (5)

ffcl’i = [sin(27wivf), cos(2mwyvt) |K | € R2K, (6)

These features are projected by separate MLPs into embed-
dings enass,; and efel’i in RP». Subsequently, we broad-
cast emygs,; and flatten efel_ , to reshape them into €py,s,; €
REDPr and flatten €yel i E REDR, respectively. FiLM
[41] coefficients are then generated as (Ymass i, Omass;i) =
Linear(€mass,i) and ("wel, Bvel,;) = Linear(€ye;), and ap-
plied to modulate the object-centric visual feature h;:

hmass,i = (1+%tanh(7mass,i)) ®h; + %tanh(ﬁmass,i)v @)
hyeri = (1+ 5 tanh(yveri)) © h; + 3 tanh(Beeri).  (8)

Mass modulation remains constant across time for each ob-
ject, controlling global loudness and decay, while velocity
modulation is frame-dependent, adapting audio features to in-
stantaneous motion. For frames where the object is absent or
occluded, a learnable velocity-occlusion token zel.occ € RP"
ensures temporal consistency in velocity conditioning.

Aggregation and physics-aware conditioning. Finally, the
modulated mass and velocity features are aggregated via



gated pooling:

c Zz Gmass,ihmass,i c Zz Gvel,ihvel,i
mass — ; vel = ;
Zi Gmass,i ZZ Gvel,i

where Gmass,ia Gvel,i = U(MLP(hmass,i))> U(MLP(hvel,i))
and o denotes a sigmoid function. We omit the frame index
¢ from variables here for brevity.

We construct a multimodal condition ¢y by fusing vi-
sual features from the CLIP visual encoder [21], synchro-
nization features from Synchformer [20], text embeddings
from the CLIP text encoder, and timestep embeddings, fol-
lowing MMAudio [8]. This multimodal condition is injected
into each transformer block through Adaptive Layer Nor-
malization (AdalLN) layers, providing a unified global and
dynamic audiovisual context.

To incorporate physical cues while preserving multimodal
stability, we introduce a A-modulation mechanism that aug-
ments AdaLN coefficients with zero-initialized residual mix-
ers driven by physics conditions. Rather than directly sum-
ming physics features with multimodal conditions, each
transformer block refines its modulation parameters w as

®

W= W(Cmulti) + .gm(cmuss) + ay gv(cvel)a (10)

where g,,,, g, are lightweight zero-initialized MLPs and
Qpm, 0, are learnable gates controlling their magnitude. w
denotes the AdaLN modulation parameters (scale and shift)
computed from the multimodal condition, and @ represents
their physics-augmented counterpart used within each trans-
former block. This residual formulation ensures that physical
cues are injected gradually—allowing the model to adapt
mass and motion effects without perturbing the multimodal
representation—thereby aligning diffusion dynamics with
physically consistent audiovisual behavior (see supplemen-
tary material for details on the diffusion transformer blocks).

4. Experiments

We first outline the evaluation setup, and then present thor-
ough analyses of the experimental results. Due to the space
limitation, we present more implementation details and addi-
tional experiments in the supplementary material.

4.1. Experimental Settings

Implementation details. PAVAS is trained in two stages.
In the first stage, we train a multimodal latent diffusion back-
bone [8, 10, 31] for general video-to-audio generation. Then,
we integrate the Physics Parameter Estimator (PPE) and
the Physics-Driven Audio Adapter (Phy-Adapter) into the
backbone to inject explicit mass and velocity cues. The au-
dio, visual, and text encoders are frozen while the diffusion
transformer blocks and conditioning pathways are optimized.
The backbone is trained for 300k iterations using AdamW
(learning rate 1x10~%, weight decay 1x10~5) with gradient
clipping and a batch size of 512. The same optimization

settings are used in the second stage, except that the itera-
tions and the learning rate is reduced to 30K and 1x1075,
respectively. During physics-aware fine-tuning, physics to-
kens are replaced with their corresponding empty tokens
with probability 0.1 to handle cases where motion cues are
missing or not detected. We train model variants operating at
16kHz and 44.1kHz, which differ only in backbone capacity.

Dataset. We train models using a combination of multi-
modal and audio—text corpora. For general video-to-audio
learning, we draw video—audio pairs from VGGSound [6]
and complement them with large-scale audio—text datasets [9,
23, 37]. For audio—text datasets, the missing visual tokens
are replaced with learnable tokens, allowing the multimodal
backbone to remain compatible across data sources. When
training the physics-aware components in the second stage,
only the VGGSound dataset is used. Audio clips from all
datasets are clipped to 8-second segments. Following com-
mon practice [8, 22, 35], we feed the corresponding VG-
GSound class label as a text input of the model.

To assess physical realism, we additionally curate VGG-
Impact, a subset of VGGSound test split composed of 10
sound classes and 272 impact moments, where object mass
and motion directly influence the produced sound—such as
“hammering nails” and “basketball bounce”. We first filters
out based on sound classes. Then, we manually filter out
ambiguous scenes with poorly defined contact dynamics and
focuses on momentary interactions where impact strength
and object inertia are visually identifiable. This enables
targeted evaluation of whether generated audio reflects the
underlying physical parameters inferred from video.

Metrics. We evaluate generation performance across estab-
lished dimensions—distributional fidelity, perceptual quality,
semantic alignment, and temporal synchronization. Follow-
ing prior work [8, 19, 60], we report Fréchet Distance (FD)
and Kullback-Leibler divergence (KL) to measure feature
distribution similarity between generated and ground-truth
audio, using PaSST [29], PANNSs [28], and VGGish [13].
Audio quality is measured using the Inception Score (IS). Se-
mantic alignment is evaluated via cross-modal cosine similar-
ity in the ImageBind space [14]. Temporal synchronization is
quantified using the DeSync metric from Synchformer [20],
which estimates audio—video misalignment.

To assess the physical plausibility of generated audio,
we introduce the Audio—Physics Correlation Coefficient
(APCC), which measures how changes in physical magni-
tude relate to changes in acoustic onset strength. For each
impact event, we first detect the onset in the audio and mea-
sure its spectral strength using a standard onset detection
function [4]. We then estimate the change of kinetic en-
ergy at the onset time using the object’s predicted mass
and its pre- and post-impact velocities in the corresponding
video. This quantity represents the mechanical energy lost
at impact, which is expected to be radiated as an acoustic



Method Params Physics corr. Distribution matching Audio quality Semantic align. Temporal align.
APCC—A\L FDPaSST\L FDPANNS\L FDVGGi KLPANNS\L KLPaSSTxL IST IB—SCOI‘CT DeSyncJ,
See & Hear [63]* 415M 0.566 219.0 24.58 5.40 2.26 2.30 8.58 33.99 1.204
V-AURA [57]*° 695M 0.654 218.5 14.80 2.88 242 2.07 10.08 27.64 0.654
VATT [35]F - 0.673 131.9 10.63 2.77 1.48 1.41 11.90 25.00 1.195
Frieren [60]7¢ 159M  0.662 106.1 1145 134 273 2.86 12.25 22.78 0.851
FoleyCrafter [68]*  1.22B 0.588 140.1 16.24 2.51 2.30 2.23 15.68 25.68 1.225
V2A-Mapper [58]7¢ 220M 0.671 84.57 8.40 0.84 2.69 2.56 12.47 22.58 1.225
TARO [56]*¢ 258M 0.758 159.1 10.49 1.57 292 2.67 9.62 22.85 1.169
MMAudio-L [8] 1.03B 0.536 60.60 4.72 0.97 1.65 1.40 17.40 33.22 0.442
PAVAS-L (Ours) 1.04B 0.378 47.38 3.99 1.15 1.55 1.35 17.51 35.41 0.446

Table 1. Quantitative comparison on the VGGSound test set. Following the standard evaluation protocol [8, 60], parameter counts
exclude pretrained encoders (e.g., CLIP), latent audio encoders/decoders, and the modules that are not used in test time (e.g., vocoders). We
report only the Large variants of MMAudio and PAVAS; both operate at 44.1kHz, while all other models run at 16kHz. *: results reproduced
using publicly released code. {: results evaluated from author-provided samples. ¢: models that do not use text input at test time.

impulse [26]. APCC measures the correlation between these
two sequences, kinetic energy changes and acoustic onset
strengths, within each sound class in VGG-Impact. We com-
pute this correlation for both ground-truth and generated
audio and compare the two. A lower APCC-A indicates that
the generated audio more closely matches the real coupling
between kinetic energy changes and spectral onset strength,
and thus exhibits stronger physics consistency.

4.2. Experimental Results and Analyses

We evaluate our framework on both perceptual and physical
dimensions, examining (i) how existing video-to-audio gen-
eration models behave under physically grounded evaluation,
(i1) how PAVAS improves perceptual and physical quality,
and (iii) which design factors contribute to its effectiveness.

How well do existing models reflect physics? To ana-
lyze whether current Video-to-Audio (V2A) models generate
acoustics that follow real physical behavior, we evaluate nine
state-of-the-art Video-to-Audio (V2A) models [8, 35, 56—
58, 60, 63, 68], including ours, on the VGG-Impact bench-
mark using the proposed Audio—Physics Correlation Coef-
ficient (APCC) (See Table 1). Across models, we observe
APCC-A values frequently exceeding 0.5, indicating no-
ticeable gaps with respect to the ground-truth correlation
between physical quantities and acoustic responses. PAVAS
obtains the lowest APCC-A among evaluated methods, sug-
gesting that it more closely matches the physics—audio rela-
tionship present in the dataset. Overall, the results indicate
that while existing V2A models may capture semantic align-
ment, their generated audio only partially captures variations
in underlying physical magnitudes.

This motivates incorporating explicit object-level mass
and velocity as conditioning signals to promote more physi-
cally consistent V2A generation. Since such conditioning is
only effective when the underlying physical estimates are re-
liable, we assess both components of the Physics Parameter
Estimator (PPE). Across these evaluations, both estimators
demonstrate favorable accuracy, supporting their suitability

Method Audio qual.t  Semantic align.t Temporal align.t  Physical plau.t
See & Hear [63] 1.70+0.88 1.74+1.10 1.44+0.75 1.53+0.89
V-AURA [57] 2.72+1.08 3.03£1.29 3.01£1.30 2.65+1.25
VATT [35] 2.3140.95 2.59+1.27 2.04+1.08 2.22+1.16
V2A-Mapper [58] 2.73+1.06 2.62+1.43 1.87+1.00 2.10+1.22
TARO [56] 2.46+1.07 2.48+1.30 1.93+0.96 2.08+1.10
MMAudio-L [8] 4.04+0.98 4.21+1.09 4.11+1.07 3.96+1.19
PAVAS-L (Ours) 4.21+0.80 4.46+0.77 4.45+0.84 4.34+0.86

Table 2. User study on the VGGSound test set. 15 participants
rate eight generated audio on four aspects: overall quality, semantic
alignment, temporal alignment, and physical plausibility. We show
the mean and standard deviation of the Likert [33] scale score (1-5;
strongly disagree, disagree, neutral, agree, strongly agree).

as conditioning inputs for physics-aware audio synthesis.
Further details and results on the mass and velocity estima-
tion components are provided in the supplementary material.
Does PAVAS improve audio generation quality? Table 1
presents quantitative comparisons across distributional, se-
mantic, and synchronization metrics against state-of-the-art
Video-to-Audio (V2A) models. PAVAS achieves consistently
favorable performance across all measures, suggesting that
incorporating explicit physics cues can enhance not only
physical plausibility but also audio quality on in-the-wild
video data [6]. Spectrogram analysis in Fig. 3 reveals that ex-
isting V2A models often fail to reflect the impact dynamics
present in the video (e.g., a trampoline bounce or a tuning-
fork strike). In contrast, our method generates physically
plausible audio whose spectral patterns better reflect the
strength and dynamics of the impact, showing a closer match
to the ground-truth spectrogram at the moment of interaction.
We further conduct a user study on the VGGSound [6] test
set, where participants rate four aspects of the generated
audio: audio quality, semantic alignment, temporal align-
ment, and physical plausibility. Table 2 shows that PAVAS
achieves favorable subjective scores across all criteria.

What makes improvements on audio quality? To ana-
lyze which components of PAVAS are responsible for the
observed improvements in audio generation, we conduct
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trampoline  trampoline a ball
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Strike a tuning fork
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Figure 3. Qualitative comparison of generated spectrograms. We visualize spectrograms from existing V2A models [8, 35, 56, 57, 63],
our method, and the ground truth. Green dashed lines indicate spectral patterns temporally aligned with visual events in the video, and
graphic icons denote audible objects or interactions present in the audio track. PAVAS produces spectral patterns that more closely align
with these events, whereas other methods often generate components that are not well aligned with the visual dynamics.

Setting FDpasstl INO IB-scoreT  DeSync|
(A) Additional Adaptation

Backbone 70.19 14.44 29.13 0.483
+ Trained longer 71.99 14.34 29.46 0.486
(B) Physics Features (w/ A-Modulation)

+ Cass only 66.89 15.94 29.40 0.480
+ Cyer ONly 67.22 15.07 29.33 0.446
+ Cmass and Cyer (Ours) 65.67 16.50 29.41 0.448
(C) Injection Strategy (w/ both cmass and cyer)

Direct Summation 67.31 16.30 29.40 0.455
A-Modulation (ours) 65.67 16.50 29.41 0.448

Table 3. Ablation study on additional adaptation, physics fea-
tures, and injection strategies. (A) examines the effect of train-
ing the pretrained backbone longer without physics conditions.
(B) investigates the contribution of each physics feature under A-
modulation. (C) compares summation vs. residual A-modulation
when both features are used. All models use the S-16kHz backbone
and share the same training configuration.

ablation studies summarized in Table 3. Simply training
the backbone [8] longer on VGGSound [6] results in only
marginal changes across evaluation metrics, suggesting that
improvements in our full model arise from the physics-aware
components rather than additional adaptation to the dataset.
In contrast, introducing physics features leads to consistent
improvements: conditioning on mass or velocity individ-
ually enhances distributional and perceptual metrics, and
combining both yields the best results. We further compare

conditioning strategies and find that residual A-modulation
surpasses direct summation, suggesting that injecting physics
cues as residual adaptive modulations within the diffusion
transformer allows the model to incorporate physical infor-
mation more effectively.

5. Conclusion

We presented PAVAS, a physics-aware video-to-audio gen-
eration method that conditions a latent diffusion model on
object-level mass and velocity. Both quantities are estimated
from Physics Parameter Estimator (PPE) and injected via
Physics-Driven Audio Adapter (Phy-Adapter), enabling the
model to produce sounds whose intensity and temporal struc-
ture better reflect underlying visual dynamics. To evaluate
physical plausibility, an aspect overlooked in prior work, we
introduce VGG-Impact and Audio—Physics Correlation Coef-
ficient (APCC), which measure how generated audio follows
changes in kinetic energy. Experiments show that mass and
velocity conditioning each contribute notable improvements,
and their combination yields stronger perceptual quality and
better physics consistency than existing models.

Discussion & future direction. PAVAS involves several pre-
trained vision modules, which may make the overall system
appear large. However, the design is not a simple combina-
tion of existing components: object-level mass and velocity
are inferred without requiring supervised audio—physics la-
bels, and the lightweight Phy-Adapter provides an effective



pathway to inject these cues into the diffusion model. Abla-
tions show that this module contributes gains beyond what
visual features alone offer, indicating that physical condi-
tioning is both meaningful and complementary. Future work
may explore more compact adapters or jointly optimized
physics estimators to further streamline the framework.
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