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ABSTRACT

This paper introduces our solution, XM-ALIGN (Unified Cross-
Modal Embedding Alignment Framework), proposed for the FAME
challenge at ICASSP 2026. Our framework combines explicit
and implicit alignment mechanisms, significantly improving cross-
modal verification performance in both “heard” and ‘“unheard”
languages. By extracting feature embeddings from both face
and voice encoders and jointly optimizing them using a shared
classifier, we employ mean squared error (MSE) as the embed-
ding alignment loss to ensure tight alignment between modali-
ties. Additionally, data augmentation strategies are applied during
model training to enhance generalization. Experimental results
show that our approach demonstrates superior performance on
the MAV-Celeb dataset. The code will be released at https:
//github.com/PunkMale/XM-ALIGN,

Index Terms— Face-Voice Association, Cross-Modal Speaker
Verification, FAME Challenge, Modal Alignment

1. INTRODUCTION

Face and voice are the most fundamental features for distinguish-
ing human identities [1]. Although unimodal identity verification
systems have achieved significant success, the challenge of per-
forming cross-modal identity verification remains. In the FAME
2026 challenge [2], domain shifts caused by language variations
introduce additional complexity. The key challenge lies in ensuring
that the learned identity embeddings maintain robustness across both
“heard” and “unheard” languages. Traditional approaches [3\ 4} 15, 16]
typically rely on complex gated fusion mechanisms or separate
projection spaces, which may inadvertently retain modality- or
language-specific noise, thus hindering the model’s generalization
ability in unseen-unheard scenarios.

To address this challenge, we propose a unified cross-modal
embedding alignment (XM-ALIGN) framework, which aims to
improve the performance of cross-modal face-voice association
systems in multilingual environments by combining explicit and
implicit alignment mechanisms. Our approach consists of two core
components: a face encoder and a voice encoder, which extract
feature embeddings from facial images and speech signals, respec-
tively. By introducing an embedding alignment loss, we explicitly
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Fig. 1: Our Proposed XM-ALIGN Framework.

ensure that the face and voice embedding spaces are more consistent,
thereby effectively reducing alignment errors caused by modality
differences. Additionally, through the design of a shared classifica-
tion head, we implicitly strengthen the mutual alignment of face and
voice features during optimization. Our method performs exception-
ally well in the FAME 2026 challenge, particularly in cross-modal
verification tasks with “heard” and “unheard” languages, demon-
strating significant improvements.

2. METHODS

The overall architecture of XM-ALIGN is shown in Fig. m The sys-
tem consists of two parallel streams: a visual encoder Efce(-) using
a ResNet-18 backbone, and an audio encoder Eyoicc () based on the
ECAPA-TDNN architecture. Given a face image xy and a voice
segment x,, from the same identity, we extract their D-dimensional
embeddings: ey = Epce(zf) and €, = Elygice(2). The key idea is
how to align the embeddings from different modalities during train-
ing.

2.1. Explicit Alignment Based on Embedding Alignment

To effectively align the feature embeddings of face and voice, we
introduce an explicit alignment objective that forces the audio em-
bedding to approach the visual embedding of the same identity in
the feature space. We propose an embedding alignment loss (MSE
loss), which explicitly adjusts the distance between the two embed-
dings by computing the mean squared error between the face and
voice embeddings. The loss function is defined as follows:
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where ei,l) and e\ represent the face and voice embeddings of the -
th sample, and N is the batch size. By minimizing this loss function,
we ensure that the distance between the face and voice embeddings
is minimized for the same identity, thereby effectively enhancing the
cross-modal association performance.

2.2. Implicit Alignment Based on Shared Classifier

In addition to the explicit alignment of embeddings, we also design
a shared classifier [7]] to implicitly align the face and voice embed-
dings. In our design, the classifier simultaneously receives embed-
dings from both the face and voice encoders and performs joint opti-
mization in a shared space. Specifically, we employ a single weight
matrix W € RE*P (where C'is the number of identities) to classify
both ey and e, as follows:
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where y; is the true identity label, and W represents the j-th col-
umn of the shared weight matrix. This parameter sharing acts as a
strong regularizer. By applying the same decision boundary to both
modalities, the encoders are implicitly constrained to map face and
voice inputs to the same semantic region in the feature space.

2.3. Overall Training Objective

The final training objective of XM-ALIGN is the weighted sum of
identity discrimination loss and modality alignment loss. By jointly
optimizing these terms, the embeddings learned by the model are
both discriminative (separated by identity) and cohesive (insensitive
to modality). The total loss function is expressed as:

»Clolal = »Cface + [fvoice + >\»Calign7 (3)

where Ly, ce and Lygice use cross-entropy (CE) loss, and ) is a hyper-
parameter that balances the strength of the explicit alignment con-
straint. During the inference phase, the similarity between face and
voice is directly calculated as the cosine similarity between their em-
beddings, without the need for an additional fusion network.

3. EXPERIMENTAL SETUP AND RESULTS

3.1. Experimental Setup

We conducted extensive experimental evaluations on the MAV-
Celeb [8] dataset to assess the performance of the XM-ALIGN
framework. We used ECAPA-TDNN [9] with 1024 channels as
the voice encoder, ResNet-18 [10] as the face encoder, and set
the embedding dimension to 512. Cross-entropy was used as the
classification loss, and mean squared error (MSE) was used as the
embedding alignment loss. To enhance the model’s generalization
capability, data augmentation was applied: speech augmentation
included reverberation [11] and noise injection [12], while image
augmentation included random horizontal flipping, Gaussian blur-
ring, and grayscale conversion. The model was trained for a total
of 500 epochs, with an initial learning rate of 0.001 and a decay
rate of 0.97 per epoch, optimized using the Adam optimizer. The
final model performance was determined by the average weights of

Table 1: EER (%) results on MAV-Celeb using different classifier
configurations and embedding alignment strategies. The best two
results are marked in bold.

MAV-Celeb V1
. . Align. . .
Cls. Cls. Align. Weight English  English Urdu Urdu Overall

Head Loss  Metric ( )\g) heard unheard  heard  unheard  Score
1 Baseline 29.3 404 25.8 379 334
2 Separate AAM  MSE 0.1 42.1 40.8 41.5 433 41.9
3 Separate CE Cosine 1.0 382 36.7 25.0 29.5 323
4  Separate  CE MSE 0.1 353 40.0 24.6 25.0 312
5 Separate CE MSE 1.0 352 39.1 24.1 25.0 30.8
6 Shared CE - - 43.0 40.0 375 379 39.6
7 Shared CE MSE 0.1 357 40.4 228 24.1 30.8
8 Shared CE MSE 1.0 342 38.2 254 24.6 30.6

MAV-Celeb V3
. Align. . .

# Cls. Cls. Align. Weight English  English German German Overall

Head Loss  Metric ( )\g) heard  unheard heard unheard  Score
9 Baseline 34.5 432 39.6 43.7 40.2
10 Separate  CE MSE 0.1 32.9 422 344 32.1 354
11  Separate  CE MSE 0.3 324 40.5 339 304 343
12 Separate CE MSE 1.0 31.8 53.8 54.5 30.8 427
13 Shared CE MSE 0.1 31.2 41.0 32.6 32.1 342
14 Shared CE MSE 1.0 335 39.3 339 317 34.6
15 Score Fusion (#11,13,14) 324 38.7 321 30.8 335

the last 5 epochs. The evaluation metric used was equal error rate
(EER).

3.2. Results

As shown in Table [I] we conducted ablation experiments on the
MAV-Celeb V1 dataset to validate the effectiveness of different com-
ponents. On MAV-Celeb V1, we evaluated the impact of the clas-
sification loss function, showing that CE loss outperforms AAM-
Softmax [13], likely due to overfitting from the AAM margin penalty
on small datasets. For embedding alignment, MSE outperforms co-
sine distance, highlighting the advantage of enforcing absolute prox-
imity in Euclidean space. The significant gap between experiments
#6 and #7 emphasizes the importance of explicit embedding align-
ment, which is necessary to bridge the modality gap. The best per-
formance was achieved by combining a shared classification head
(experiment #8), demonstrating the value of combining implicit se-
mantic and explicit geometric alignment.

These findings generalize to the V3 dataset. The shared clas-
sification head with MSE alignment (experiments #13 and #14)
demonstrated strong performance, especially in unseen language
challenges. While the best single model (experiment #13) achieved
an EER of 34.2%, score fusion of the top three models (experiments
#11, #13, and #14) reduced the EER to 33.5%, further demon-
strating the effectiveness of multi-model ensembles in multilingual
face-voice association.

4. CONCLUSION

This paper proposed the XM-ALIGN framework, which effectively
improves performance in the multilingual face-voice association task
by combining explicit and implicit alignment. In the FAME chal-
lenge at ICASSP 2026, experimental results show that using a shared
classification head along with the embedding alignment strategy sig-
nificantly enhances the model’s accuracy in cross-lingual verifica-
tion. Furthermore, through a simple score fusion strategy, we further
improve the overall system performance, demonstrating the effec-
tiveness of multi-model ensemble in multilingual environments.
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