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ABSTRACT

Speech emotion recognition (SER) is an important technology in
human-computer interaction. However, achieving high performance
is challenging due to emotional complexity and scarce annotated data.
To tackle these challenges, we propose a multi-loss learning (MLL)
framework integrating an energy-adaptive mixup (EAM) method and
a frame-level attention module (FLAM). The EAM method lever-
ages SNR-based augmentation to generate diverse speech samples
capturing subtle emotional variations. FLAM enhances frame-level
feature extraction for multi-frame emotional cues. Our MLL strat-
egy combines Kullback-Leibler divergence, focal, center, and super-
vised contrastive loss to optimize learning, address class imbalance,
and improve feature separability. We evaluate our method on four
widely used SER datasets: IEMOCAP, MSP-IMPROV, RAVDESS,
and SAVEE. The results demonstrate our method achieves state-of-
the-art performance, suggesting its effectiveness and robustness.

Index Terms— Speech emotion recognition, multi-loss learning,
energy-adaptive mixup, frame-level attention

1. INTRODUCTION

Speech emotion recognition (SER) is an important technology in
human-computer interaction (HCI), enabling systems to recognize
and respond to human emotions, improving user interactions. SER
has broad applications in healthcare [1], customer service [2], con-
versational agents [3], and online education [4]. Despite advances,
SER remains challenging due to the complex and subjective nature
of human emotions.

Recent research indicates emotions in speech are conveyed not
just through linguistic content but also subtle nonverbal cues like
tone, rhythm, and energy variations [5, 6]. These characteristics
are essential for capturing robust emotional features to enhance SER
performance. However, annotating emotional speech data is time-
consuming and labor-intensive, leading to limited datasets. This
data scarcity restricts the learning capacity of deep learning models,
hindering SER system performance.

To address data scarcity, researchers have employed data aug-
mentation techniques, such as noise addition, to enhance SER per-
formance. For instance, An et al. [7] applied additive Gaussian white
noise to expand their dataset, achieving notable accuracy improve-
ments. More advanced methods, such as mixup from computer vision
(CV), have been adopted for their effectiveness. Kang et al. [8] intro-
duced a label-adaptive mixup for SER, combining speech segments to
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create mixed-label representations. However, this approach ignores
energy-based emotional variations by mixing segments uniformly, a
simplification that may overlook critical emotional nuances.

To address these issues, we propose a novel multi-loss learn-
ing (MLL) framework. It integrates an energy-adaptive mixup
(EAM) method to generate diverse speech samples with varied en-
ergy levels. Concurrently, a frame-level attention module (FLAM)
is introduced to refine the extraction of these multi-frame emotional
cues. The framework is then optimized by our MLL strategy, which
combines four key losses: Kullback-Leibler divergence for soft label
alignment, focal loss for hard samples, and both center and supervised
contrastive (SupCon) losses to improve feature discrimination. We
also integrate a context broadcasting (CB) mechanism to maximize
feature utilization from FLAM.

We validate our approach on four widely-used SER benchmark
datasets: IEMOCAP [9], MSP-IMPROV [10], RAVDESS [11], and
SAVEE [12]. Experimental results show our method outperforms
state-of-the-art models and exhibits strong generalization across var-
ious emotional speech conditions, underscoring its superior perfor-
mance and robustness. The key contributions of this work are sum-
marized as follows:

• We propose a novel EAM method and design a FLAM to cap-
ture robust emotional features. To the best of our knowledge,
this is the first approach to incorporate the energy factor into
the mixup process for speech data.

• We propose a MLL strategy that, for the first time, integrates
the supervised contrastive loss and the center loss for SER.
This strategy effectively leverages the latent emotional fea-
tures, leading to significant performance improvements.

• Extensive experiments conducted on four benchmark datasets
demonstrate both the effectiveness and strong generalization
capability of our proposed method. Our approach consis-
tently outperforms existing state-of-the-art models across all
datasets, highlighting not only its superior performance but
also its robustness in diverse emotional speech scenarios.

2. METHOD

2.1. Model architecture

As shown in Figure 1, our model integrates three core components:
an energy-adaptive mixup (EAM) method, a frame-level attention
module (FLAM), and a multi-loss learning (MLL) strategy. The
EAM method enhances training data by generating mixed speech
samples with varied energy levels based on Signal-to-Noise Ratio
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Fig. 1: The overall model architecture of our proposed SER method.

(SNR), providing richer emotional variations. The FLAM then re-
fines temporal relationships between frames using a multi-head at-
tention mechanism to focus on salient emotional cues. Finally, our
MLL strategy optimizes the model by combining multiple specialized
loss functions (KL-div, focal, center, and SupCon) to handle label
distributions, difficult samples, and improve feature separability.

2.2. Energy-adaptive mixup method

Building upon the length-adaptive mixup (LAM) method [8], which
overlooks energy factors, we propose our EAM method. In contrast
to LAM’s length-based label weighting, EAM incorporates energy.
The process begins by selecting a random mix length 𝑙mix and starting
positions 𝑥𝑖 , 𝑥 𝑗 to extract speech segments x′

𝑖
and x′

𝑗
. The energy 𝑃′

𝑗

of segment x′
𝑗

is then adjusted based on a random SNR(dB) value to
generate a new energy 𝑃′′

𝑗
, as defined by:

SNR(dB) = 10 log10

(
𝑃′
𝑖

𝑃′′
𝑗

)
, (1)

From this, the scaling factor and the energy-adjusted speech segment
x′′
𝑗

are computed:

scale =

√︄
𝑃′
𝑖

10SNR(dB)/10 × 𝑃′
𝑗

, (2)

x′′𝑗 = scale × x′𝑗 . (3)

The adjusted segment x′′
𝑗

is then mixed with the original speech x𝑖
by overwriting the corresponding segment:

xeng [𝑥𝑖 : 𝑥𝑖 + 𝑙mix] = x′𝑖 + x′′𝑗 . (4)

This produces an energy-adaptive label that incorporates both length
and energy ratios:

yeng =

[
1 − 𝑙mix

𝑙𝑖

𝑃′′
𝑗

𝑃′
𝑖
+ 𝑃′′

𝑗

,
𝑙mix
𝑙𝑖

𝑃′′
𝑗

𝑃′
𝑖
+ 𝑃′′

𝑗

, . . . , 0

]
. (5)

The resulting mixed signal xeng is then fed into a pre-trained WavLM
Large model [13] to extract an emotional feature sequence 𝑋 ∈

R𝑇×𝐷 . By creating richer samples and a more representative label
distribution, EAM better reflects the correlation between energy and
emotion [14].

2.3. Frame-level attention module

Our FLAM enhances inter-frame relationships to capture subtle tem-
poral dependencies. The input feature sequence 𝑋 ∈ R𝑇×𝐷 is first
processed by a 16-head Multi-Head Self-Attention (MSA) module
with a residual connection to produce an enhanced feature sequence
𝑋 ′:

𝑋 ′ = 𝑋 + MultiHead(𝑋). (6)
This sequence 𝑋 ′ is then aggregated into a single feature vector
𝑓 ∈ R𝐷 using frame-level attention weights learned from a fully
connected (FC) layer, a process more effective than traditional pool-
ing:ß

𝑓 = 𝑋 ′𝑇 · FC(𝑋 ′) where FC(𝑋 ′) ∈ R𝑇×1. (7)
This module allows the model to aggregate multi-frame features
by weighting their relative importance, thus extracting more robust
features.

2.4. Multi-loss learning strategy

We employ a weighted MLL strategy to optimize the extracted fea-
tures. Since the EAM label yeng is a soft probability distribution,
we use KL-divergence loss to measure the difference between the
predicted and target distributions:

LKL =

|𝐸 |∑︁
𝑖=1

𝑦𝑖 log
(
𝑦𝑖

𝑦̂𝑖

)
. (8)

To focus on harder-to-classify samples, we apply focal loss [15]:

LFocal = −
|𝐸 |∑︁
𝑖=1

(1 − 𝑦̂𝑖)𝛾 log( 𝑦̂𝑖)𝑦𝑖 . (9)

To improve feature discrimination, we project features to a lower-
dimensional space. The center loss [16] minimizes intra-class vari-



ance by pulling features towards their corresponding class centers:

LCenter =
1
𝐵

𝐵∑︁
𝑖=1

∥ 𝑓low𝑖
− 𝑐𝑖 ∥2. (10)

We also adapt a context broadcasting (CB) [17] mechanism to en-
courage sparse feature interactions before applying SupCon loss:

𝐶𝐵(𝑋 ′
low𝑖

) = 1
2

(
𝑋 ′

low𝑖
+ 1
𝑇

𝑇∑︁
𝑚=1

𝑋 ′
low𝑚

)
. (11)

Finally, supervised contrastive (SupCon) loss [18] maximizes inter-
class distance while minimizing intra-class similarity:

LSupCon =

∑
𝑖∈𝐼

−1
|𝑃 (𝑖) |

∑
𝑗∈𝑃 (𝑖)

log
exp(𝑋′

low𝑖
·𝑋′

low 𝑗
/𝜏 )∑

𝑘∈𝐴(𝑖)
exp(𝑋′

low𝑖
·𝑋′

low𝑘
/𝜏 )

𝐵 × 𝑇
. (12)

Our final objective is a weighted combination of these four loss
functions:

L = 𝜆1LKL + 𝜆2LFocal + 𝜆3LCenter + 𝜆4LSupCon. (13)

3. EXPERIMENTS AND RESULTS

3.1. Datasets

We evaluate our method on four widely-used SER benchmark
datasets: IEMOCAP [9], MSP-IMPROV [10], RAVDESS [11], and
SAVEE [12]. These datasets provide a robust evaluation by includ-
ing a mix of acted and spontaneous emotions, diverse speakers, and
varying recording conditions.

IEMOCAP [9] contains roughly 12 hours of spontaneous and
acted conversational data from 10 speakers. We use 5,531 utterances
across four classes (happy, angry, sad, neutral) and perform 5-fold
session-independent cross-validation.

MSP-IMPROV [10] is a conversational corpus containing 8,438
clips of spontaneous emotions from 12 actors in 6 sessions. We use
samples from four basic emotions (happy, angry, sad, neutral) and
conduct 6-fold session-independent cross-validation.

RAVDESS [11] is a dataset of acted emotions from 24 profes-
sional actors. We use the speech portions from 1,440 clips across
eight emotions (happy, angry, sad, neutral, fearful, disgust, surprised,
calm) and conduct 6-fold subject-independent cross-validation.

SAVEE [12] contains 480 utterances from 4 male speakers ex-
pressing seven emotions (happy, angry, sad, neutral, fearful, disgust,
surprised). We perform 4-fold speaker-independent cross-validation.

3.2. Experiment setup

The performance of our method is evaluated under the speaker-
independent setting. To ensure a fair comparison with previous
SOTA methods, we adopt the widely used unweighted accuracy (UA)
and weighted accuracy (WA) metrics. In the ablation studies, we sys-
tematically removed key components (EAM, FLAM) and individual
loss functions (focal, SupCon) to assess their contributions to the
overall performance. Each ablation experiment follows the same
training and testing settings as the full mode. The dimensionality of
the low-dimensional space used for the central loss and the SupCon
loss is set to 64. The batch size is set to 16 for all experiments. We
use Adam as the optimizer, and the learning rates are initialized to
1 × 10−4 for the model and 5 × 10−3 for updating the centers, with
all learning rates of each epoch decreasing to 7/8 of its previous
rate until the 20𝑡ℎ epoch. All the experiments are conducted on a
NVIDIA RTX3090.

Table 1: Comparison results on IEMOCAP, MSP-IMPROV, and
RAVDESS datasets (A: Audio-only, M: Multi-modal).

Dataset Methods Modality WA(%) UA(%)

IEMOCAP

Tang et al. [19] A 71.64 72.72
Sun et al. [20] A 72.86 72.85
Wang et al. [21] A 73.37 74.18
He et al. [22] A 73.80 74.25
Gao et al. [23] A 74.94 76.10
Kang et al. [8] A 75.37 76.04

He et al. [24] M 74.50 75.00
Wang et al. [25] M 75.20 76.40

Ours A 78.47 79.14

MSP-IMPROV

Guo et al. [26] A 46.20 44.70
Nediyanchath et al. [27] A 47.30 46.10
Xu et al. [28] A 47.90 45.80
Cao et al. [29] A 50.70 49.90
Liu et al. [30] A 51.51 41.56
Liu et al. [31] A 55.80 55.30

Ours A 58.55 58.34

RAVDESS

Baevski et al. [32] A 74.38 73.44
Sun et al. [33] A 72.29 70.38
Chen et al. [13] A 75.36 75.28
Yu et al. [34] A 81.86 82.75

Chumachenko et al. [35] M 79.20 -
Sadok et al. [36] M 84.80 -
Sun et al. [33] M 87.99 87.96

Ours A 93.40 92.28

3.3. Results and discussions

Our proposed method consistently outperforms existing state-of-the-
art (SOTA) approaches, demonstrating strong performance and gen-
eralization across all four benchmark datasets. This success un-
derscores the model’s ability to handle both spontaneous and acted
emotional speech effectively.

As shown in Table 1, our model achieves a Weighted Accuracy
(WA) and Unweighted Accuracy (UA) of 78.47%/79.14% on IEMO-
CAP and 58.55%/58.34% on MSP-IMPROV, successfully navigating
the challenges of conversational and spontaneous speech. The perfor-
mance on datasets with acted emotions is also remarkable, reaching
93.40%/92.28% on RAVDESS. On the SAVEE dataset (Table 2), our
model achieves an average UA of 72.3%, outperforming the previous
SOTA and showing significant gains for challenging speakers.

This superior performance is attributed to the synergy be-
tween our core components. The Energy-Adaptive Mixup (EAM)
provides diverse training data, the Frame-Level Attention Mod-
ule (FLAM) captures subtle temporal cues, and the Multi-Loss
Learning (MLL) strategy ensures robust optimization and feature
discrimination. These results confirm our model’s effectiveness and
robustness across diverse emotional scenarios without relying on
dataset-specific optimizations or multi-modal inputs.

3.4. Ablation study

To validate the contribution of each component in our proposed
method, we conduct a systematic ablation study on the IEMOCAP
dataset, with results presented in Table 3.

The study first confirms the individual effectiveness of our



Table 2: Comparison results on SAVEE in UA(%).

Methods DC JE JK KL Mean

Chen et al. [37] 81.6 83.3 69.9 49.7 71.1
Ours 82.3 87.0 66.9 53.0 72.3

Human [37] 73.7 67.7 71.2 53.2 66.5

Table 3: Ablation study of the proposed method on IEMOCAP, including pre-trained model, mixup method, feature aggregation method, and
loss function. We use Kang et al.’s method [8] as the baseline model, as shown in the first row of the table.

Hubert WavLM Mixup Feature Aggregation Loss Function WA(%) UA(%)Large Large LAM EAM MaxPool MeanPool FLAM KL-div Center Focal SupCon
✓ − ✓ − − − − ✓ ✓ − − 75.37 76.04
✓ − − − − − ✓ ✓ ✓ − − 75.83 76.45
✓ − − ✓ − − − ✓ ✓ − − 76.18 76.69
✓ − ✓ − − − ✓ ✓ ✓ − − 76.22 76.84
✓ − − ✓ − − ✓ ✓ ✓ − − 76.31 76.90
− ✓ ✓ − − − − ✓ ✓ − − 76.98 77.14
− ✓ − − − − ✓ ✓ ✓ − − 77.12 77.58
− ✓ − ✓ − − − ✓ ✓ − − 77.26 77.71
− ✓ − ✓ ✓ − − ✓ ✓ − − 77.32 77.74
− ✓ − ✓ − ✓ − ✓ ✓ − − 77.47 77.95
− ✓ ✓ − − − ✓ ✓ ✓ − − 77.58 78.02
− ✓ − ✓ − − ✓ ✓ ✓ − − 77.63 78.10
− ✓ − ✓ − − ✓ ✓ ✓ ✓ − 77.96 78.56
− ✓ − ✓ − − ✓ ✓ ✓ − ✓ 78.23 78.83
− ✓ − ✓ − − ✓ ✓ ✓ ✓ ✓ 78.47 79.14

(a) (b)

(c) (d)

Fig. 2: t-SNE visualizations of feature distributions on IEMOCAP.
(a) Training set before MLL; (b) Test set before MLL; (c) Train-
ing set after MLL; (d) Test set after MLL. Colors: Blue–Angry,
Orange–Happy, Green–Sad, Red–Neutral. The feature clusters are
visibly more distinct after our MLL strategy.

Energy-Adaptive Mixup (EAM) and Frame-Level Attention Module
(FLAM). Results indicate that EAM, which generates energy-
diverse samples, provides more meaningful features for aggregation
by FLAM than the baseline Length-Adaptive Mixup (LAM). Fur-
thermore, our FLAM significantly outperforms traditional pooling
methods like MaxPool and MeanPool by effectively weighting the
importance of multi-frame emotional features, leading to a more
robust feature representation.

Next, we analyze the components of our Multi-Loss Learning
(MLL) strategy. The inclusion of focal loss improves performance by
up-weighting hard-to-classify samples. The supervised contrastive
(SupCon) loss further enhances feature discrimination by increasing
inter-class distance while minimizing intra-class variance. The ef-
fectiveness of our MLL strategy in creating more separable feature
clusters is visually confirmed by t-SNE visualizations, as shown in
Figure 2. Collectively, these results demonstrate the crucial role each
component plays in significantly improving SER performance.

4. CONCLUSION

In this paper, we introduced a novel Multi-Loss Learning (MLL)
framework for Speech Emotion Recognition (SER), integrating an
Energy-Adaptive Mixup (EAM) method to generate diverse, energy-
varied speech samples and a Frame-Level Attention Module (FLAM)
to refine emotional feature extraction. Our MLL strategy effectively
addresses class imbalance and improves feature separability. Ab-
lation studies validated the significant contribution of each compo-
nent, confirming that our integrated framework achieves state-of-the-
art (SOTA) performance and robust generalization across multiple
benchmark datasets. Future work will focus on validating the model
on more diverse cross-linguistic datasets, incorporating multi-modal
features (e.g., visual and textual data), and enhancing the mixup
method’s adaptability through techniques like meta-learning.
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