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Abstract

World models simulate environmental dynamics to enable
agents to plan and reason about future states. While ex-
isting approaches have primarily focused on visual obser-
vations, real-world perception inherently involves multiple
sensory modalities. Audio provides crucial spatial and tem-
poral cues such as sound source localization and acous-
tic scene properties, yet its integration into world mod-
els remains largely unexplored. No prior work has for-
mally defined what constitutes an audio-visual world model
or how to jointly capture binaural spatial audio and vi-
sual dynamics under precise action control with task re-
ward prediction. This work presents the first formal frame-
work for Audio-Visual World Models (AVWM), formulat-
ing multimodal environment simulation as a partially ob-
servable Markov decision process with synchronized audio-
visual observations, fine-grained actions, and task rewards.
To address the lack of suitable training data, we construct
AVW-4k, a dataset comprising 30 hours of binaural audio-
visual trajectories with action annotations and reward sig-
nals across 76 indoor environments. We propose AV-CDiT,
an Audio-Visual Conditional Diffusion Transformer with a
novel modality expert architecture that balances visual and
auditory learning, optimized through a three-stage training
strategy for effective multimodal integration. Extensive ex-
periments demonstrate that AV-CDiT achieves high-fidelity
multimodal prediction across visual and auditory modali-
ties with reward. Furthermore, we validate its practical
utility in continuous audio-visual navigation tasks, where
AVWM significantly enhances the agent’s performance.

1. Introduction
In recent years, large-scale pre-trained models have signifi-
cantly advanced a wide range of AI applications. A natural
extension of this success is to equip models with the ability
to predict and reason about future states of the world. In this
context, world models [9, 14, 16, 39, 42] have emerged as
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Figure 1. From unimodal to audio-visual world models. While
embodied agents in the real world perceive through multiple sen-
sory modalities including vision and audio, existing world models
predominantly focus on visual observations alone. Our work intro-
duces Audio-Visual World Models (AVWMs), the first framework
to jointly simulate synchronized audio-visual dynamics under pre-
cise action control with task reward prediction.

a fundamental paradigm for enabling AI systems to under-
stand and simulate environmental dynamics. World mod-
els aim to encode the underlying dynamics of an environ-
ment, allowing an agent to predict future observations and
rewards based on its actions, thereby providing a founda-
tion for planning, decision making, and reasoning in com-
plex environments. While early world modeling efforts pre-
dominantly focused on visual observations, real-world per-
ception is inherently multimodal. Among the various sen-
sory modalities, audio carries rich information about envi-
ronmental properties that are often complementary to vi-
sual cues [10, 29, 40, 41]. For instance, the spatial loca-
tion of sound sources, the acoustic characteristics of phys-
ical spaces, and the temporal evolution of auditory events
all provide critical signals for embodied agents navigating
and interacting with their surroundings. As such, develop-
ing world models that can jointly capture audio-visual dy-
namics under precise action control represents an essential
step toward building intelligent agents capable of human-
like environmental understanding.

However, existing research faces two major limitations
that hinder progress toward multimodal world modeling.

Limitation 1: Conceptual and data-level gap in con-
structing audio-visual world models. Although multi-
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Table 1. Comparison with existing world modeling approaches.
Our work is the first to achieve precise action control, binaural
spatial audio modeling, and reward prediction in a unified frame-
work.

Method Modality Precise Action Binaural Audio Reward

DIAMOND [2] Visual ✓ ✗ ✓
Genie [6] Visual ✗ ✗ ✗
Cosmos [1] Visual ✗ ✗ ✗
VLWM [37] Visual+Text ✗ ✗ ✗
RLVR-World [33] Visual+Text ✓ ✗ ✓
WorldGPT [13] Visual+Audio ✗ ✗ ✗

AV-CDiT (Ours) Visual+Audio ✓ ✓ ✓

modal perception has become a central goal for embod-
ied intelligence, there remains no formalized definition of
what constitutes an audio-visual world model. Prior work
has not clarified how synchronized audio and visual obser-
vations, fine-grained actions, and task rewards should be
jointly modeled within a unified world-dynamics formula-
tion. There is also a lack of standardized datasets. Exist-
ing datasets are either purely visual or provide entire au-
dio and video tracks that lack action-conditioned correspon-
dence. Besides they hardly capture spatial acoustic charac-
teristics, making them unsuitable for constructing and eval-
uating controllable audio-visual world models.

Limitation 2: Architectural gap in modeling control-
lable multimodal dynamics. Even if such a formulation
were available, current modeling paradigms remain inad-
equate for learning coherent and controllable multimodal
world dynamics. As summarized in Table 1, existing world
models either focus solely on visual dynamics or incorpo-
rate audio without fine-grained action conditioning, spatial
acoustic reasoning, and reward prediction. Although some
multimodal world model architectures extend beyond vision
to incorporate modalities such as text, they are primarily
designed to capture semantic associations rather than tem-
porally aligned sensory dynamics. Consequently, these ar-
chitectures remain inadequate for audio-visual world mod-
eling, where the audio modality is inherently synchronized
with visual signals over time.

As illustrated in Figure 1, while real-world embodied
agents naturally perceive through both visual and auditory
channels, existing world models remain confined to uni-
modal visual prediction. This raises a critical question:
How can we formally define and implement an audio-visual
world model that accurately captures synchronized multi-
modal dynamics under precise action control while predict-
ing environmental feedback?

To bridge these gaps, we re-examine world modeling
from a multimodal perspective, arguing that a genuine
world model must capture how actions propagate through
both the visual and acoustic domains over time. Our contri-
butions are threefold:

• Formal Problem Formulation and Dataset: To address

the first limitation, we provide the first formal definition
of Audio-Visual World Models (AVWM), establishing a
unified framework for modeling binaural spatial audio,
visual observations, precise action control, and task re-
wards within a POMDP formulation. To support this
formulation, we construct AVW-4k, comprising approx-
imately 30 hours of synchronized binaural audio-visual
data with action annotations and reward signals across 76
indoor environments (Section 3).

• Modality Expert with Stagewise Training: To address
the second limitation, we design AV-CDiT, an Audio-
Visual Conditional Diffusion Transformer featuring a
novel modality expert architecture that balances cross-
modal interaction while preserving modality-specific rep-
resentations. We further develop a three-stage training
strategy that ensures stable optimization and enhances
multimodal integration (Section 4).

• Comprehensive Experimental Validation: We con-
duct extensive experiments demonstrating that our model
achieves high-fidelity multimodal prediction across vi-
sual, auditory, and reward modalities, and serves as an
effective planning tool for continuous audio-visual navi-
gation tasks, validating its utility for downstream embod-
ied AI applications (Section 5).

2. Related Works
Multimodal World Models. The world models are ex-
pected to simulate real-world dynamics by accumulat-
ing commonsense knowledge about how the world [32].
Earlier unimodal world models [2, 15, 24] primarily fo-
cused on visual prediction. However, real-world percep-
tion is inherently multimodal, involving not only vision but
also language [22, 33, 37] and audio [13]. Meanwhile,
WorldGPT [13] incorporates audio into scene generation
but remains reward-agnostic and lacks explicit modeling
or control of fine-grained agent actions, relying mainly on
weak semantic supervision; as a result, it functions more
as an audiovisual conditional generator than a controllable
multimodal world model. This gap underscores the need for
a unified model that jointly captures visual and auditory dy-
namics under precise action control and predicts task-level
rewards for interaction-aware, high-fidelity world simula-
tion.
Audiovisual Generation. Audiovisual generation tasks en-
compass cross modal generation (e.g., audio to video), mul-
timodal interpolation, and audiovisual continuation [20].
The latter two tasks generally provide a temporally aligned
audiovisual segment as conditioning and require the model
to predict or fill in a specified portion of audio and video,
ensuring that the entire sequence remains temporally coher-
ent. Recent works [20, 28, 34] have proposed more ver-
satile audiovisual models to address these tasks. However,
compared with world models, such generative models gen-
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Figure 2. Dataset statistics and trajectory examples of the proposed AVW-4k. Left: Proportions of trajectories corresponding to the three
motion patterns in the train/validation/test splits. Middle: Distributions of trajectory lengths and geodesic distances to the sound source
across all frames in the dataset. Right: Representative trajectories for each motion pattern, with audios shown as binaural spectrograms.

erate specific content conditioned merely on given frames.
While world models explicitly model action-conditioned
state transitions and thus perform counterfactual reason-
ing. This enables them to answer questions of the form
‘What would have happened if the agent had taken a differ-
ent action?’, rather than merely ‘What will happen next?’.
Nonetheless, these generative models have undeniably pro-
vided valuable insights and inspiration for the development
of the audiovisual world model proposed in this work.

3. Formulation and Dataset Construction

3.1. Audio-Visual World Models
An Audio-Visual World Model (AVWM) is designed to
simulate an external environment containing sound sig-
nals. In this environment there exists a stationary sound
source. We model this environment as a partially observ-
able Markov decision process (POMDP), defined as a tu-
ple (S,O,A, p, r). At each time step t, st ∈ S represents
the underlying state of the environment. ot = ϕ(st) =
{ovt , oat } ∈ O represents the partial observation received
by the agent, only providing incomplete information of st.
ovt ∈ RH×W×3 is the visual observation (an image frame)
and oat ∈ RL×2 is the binaural auditory observation (a short
segment of binaural audio). Action at = (ut, ωt) ∈ A
specifies a spatial transformation of the agent, where ui and
ωi denote the positional and orientational transformations,
respectively.

Note that all actions in the discrete action space A are
executed with the same time duration. When at is exe-
cuted at time step t, the environment transitions according
to p(st+1 | st, at), producing new audio-visual observa-
tions and an immediate reward rt+1 = r(st, at). In our
formulation, the reward provides environmental feedback
reflecting task progress, enabling the model to associate ac-

tions with both perceptual changes and task outcomes. For
example, in navigation tasks, it can be defined by the reduc-
tion in shortest-path distance to the target.

In order to simulate the the aforementioned environment,
we describe an AVWM as follows:

ôt+∆t, r̂t+∆t ∼ pθ(ot+∆t, rt+∆t | ot−m+1:t, at→t+∆t,∆t) ,
(1)

where ot−m+1:t denotes the current observation along with
its preceding frames, collectively referred to as them-frame
context. at→t+∆t denotes the spatial vector sum of the ac-
tion sequence at:t+∆t from the current frame ot to the target
frame ot+∆t. ∆t ∈ [Tmin, Tmax] specifies the temporal off-
set measured in frames, and r̂t+∆t denotes the cumulative
reward predicted over this interval.

The idea of conducting skip-step prediction by varying
the temporal offset ∆t follows [4], allowing the model not
only to perform next-frame prediction. Such temporal ab-
straction enables the world model to learn how the environ-
ment evolves over different time horizons, thereby improv-
ing its understanding of long-term spatio-temporal depen-
dencies and underlying physical dynamics.

3.2. AVW-4k Dataset
To train and evaluate our model, we construct AVW-4k, an
audio-visual interaction dataset collected in simulated in-
door environments.
Data Collection. Data collection is conducted within
the simulation environment built upon the Matterport3D
dataset [7] and the SoundSpaces 2.0 simulator [8]. This
allows for physically accurate sound propagation with
frequency-dependent acoustic effects such as reflection, ab-
sorption, and reverberation.

During data collection, an agent continuously moves
within the simulated 3D scenes while recording synchro-
nized auditory and visual observations at each timestep.
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Each environment contains a stationary sound source fixed
at a known location, which continuously plays a looping
telephone ringtone. The agent’s trajectories are randomly
sampled according to three motion patterns: (1) moving
from the source to a random goal position, (2) moving from
a random start position toward the source, and (3) moving
between two random positions independent of the source.
All trajectories are ensured to be navigable and maintain a
reasonable distance from the source to prevent silent record-
ings.

Each frame consists of an egocentric RGB image with
a resolution of 128 × 128 pixels and a 0.15-second binau-
ral audio segment sampled at 16 kHz, strictly time-aligned
across modalities. The action space of AVW-4k include
four actions: move forward by 0.15 m, turn left by 10◦,
turn right by 10◦ and stop. AVW-4k provides a task reward
between two consecutive frames by using the reduction in
the shortest-path distance to the sound source. Each sample
contains no more than 500 frames.
Dataset Composition. The final AVW-4k dataset contains
approximately 30 hours of audio–visual data, spanning 76
indoor scenes and 4,500 trajectories. Trajectory lengths
vary depending on navigation paths and acoustic configu-
rations. The dataset is divided into training, validation, and
test splits with a ratio of 6 : 1 : 2, where the environments
across subsets are non-overlapping, ensuring a fair evalua-
tion of the model’s cross-scene generalization ability.

4. Methodology

To implement the aforementioned AVWM, we design an
integrated framework with two key innovations: the Audio-
Visual Conditional Diffusion Transformer (AV-CDiT) fea-
turing a novel modality expert architecture (Section 4.1),
and a stagewise training strategy (Section 4.2).

4.1. Audio-Visual Conditional Diffusion Trans-
former

Model Architecture. AV-CDiT is a temporally autoregres-
sive Transformer model capable of generating both visual
and auditory frames, while additionally supporting the pre-
diction of task reward. Building upon prior advances such
as CDiT [4], which was originally developed for unimodal
visual world models, AV-CDiT extends the diffusion frame-
work to support action-conditioned multimodal generation
through a novel architecture, illustrated in Figure 3.

AV-CDiT first employs two pre-trained and frozen en-
coders to encode visual frames ov and auditory segments
oa, obtaining their respective latent representations zv and
za, similar in spirit to latent diffusion models [27].

Subsequently, latent representations from both modali-
ties are projected into a shared latent space through separate
adaptor layers for alignment. The scalar task reward rt+∆t

Figure 3. Overview of the proposed AV-CDiT architecture.

is then broadcast to match the token dimensionality as a re-
ward token hrt+∆t. Finally, the visual, auditory, and reward
tokens are concatenated to form the target sequence, which
is noised during diffusion.

Xt+∆t = [hvt+∆t : h
a
t+∆t : h

r
t+∆t]. (2)

This target sequence is subsequently fed into a stack
of AV-CDiT blocks for multimodal diffusion-based genera-
tion.

Similar to the target sequence, the context sequence is
constructed by concatenating context frames from both vi-
sual and auditory modalities.

Ct−m+1:t = [[hvt−m+1 : hat−m+1], . . . , [h
v
t : hat ]]. (3)

The conditioning embedding is generated following the
CDiT formulation. The aggregated action at→t+∆t, tem-
poral offset ∆t, and diffusion timestep k are encoded via
sinusoidal features and two-layer MLPs to obtain ψa, ψ∆t,
and ψk, which are summed into a single conditioning vec-
tor ct. This vector is then injected through an AdaLN [35]
module to produce scale and shift parameters that modulate
Layer Normalization and attention outputs, enabling condi-
tional control during diffusion.

In each AV-CDiT Block, both visual and auditory tokens
share common multi-head self-attention and cross-attention
layers to enable joint modeling within a unified attention
space. The self-attention layer facilitates cross-modal tem-
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Figure 4. Illustration of the stagewise training strategy used for AV-CDiT.

poral coherence and semantic alignment, while the cross-
attention layer conditions the fused target tokens on the con-
text representations Ct−m+1:t, allowing each modality to
exploit complementary information during generation.
Modality Experts. Inspired by previous expert network
architectures [3, 31], each AV-CDiT block incorporates
modality experts in the feed-forward layer that assign inde-
pendent nonlinear mappings to each modality. After shared
self-attention and cross-attention operations, the target se-
quence is divided into visual and auditory groups processed
by corresponding modality expert sub-networks, with the
reward token associated with the auditory branch, and out-
puts concatenated to reconstruct the unified sequence. This
design prevents visual dominance from hindering auditory
representation learning when leveraging visually pretrained
models, enabling the auditory pathway to learn in a coor-
dinated manner alongside the visual modality, which works
in conjunction with the stage-wise training strategy in Sec-
tion 4.2 and is validated in Section 5.3. After multiple
stacked blocks, visual, auditory, and reward tokens are de-
coded through respective output heads to predict noise, with
denoised tokens decoded into future observations and the
reward token average-pooled to estimate future task reward.
Diffusion Training. We follow the DDPM [18] formula-
tion to model future multimodal generation as a synchro-
nized diffusion process across both visual and auditory-
reward modalities. Given the clean latent targetsXv

t+∆t and
Xa:r

t+∆t, Gaussian noise is independently injected into each
modality according to a shared noise schedule {ᾱk}Kk=1,
while preserving their intrinsic correlation in the clean
space:

X
v,(k)
t+∆t =

√
ᾱkX

v
t+∆t +

√
1− ᾱk ϵv,

X
a:r,(k)
t+∆t =

√
ᾱkX

a:r
t+∆t +

√
1− ᾱk ϵa:r,

(4)

where ϵv, ϵa:r ∼ N (0, I) are modality-specific Gaussian
noises.

This formulation assumes conditionally independent for-
ward noising processes for the two modalities. Meanwhile,
the multimodal dependency is retained in the reverse pro-
cess through a unified denoising network.

The reverse process is parameterized by AV-CDiT, which

jointly predicts the injected noises (ϵ̂v, ϵ̂a:r) in a single for-
ward pass.

Training Objective. AV-CDiT adopts the standard ϵ-
prediction objective, estimating the noise added at each step
rather than directly reconstructing clean targets. The loss is
defined as:

Lsimple = Ek,ϵv,ϵa:r

[
∥ϵ̂v − ϵv∥22 + ∥ϵ̂a:r − ϵa:r∥22

]
. (5)

Following [26], we predict the covariance matrix of the
noise and supervise it with the variational lower-bound loss
Lvb [25], yielding the final objective L = Lsimple + λvbLvb.

4.2. Stagewise Training Strategy

Inspired by previous work on multimodal joint pre-
trainings [3, 31], we adopt a three-stage training strategy
to ensure stable optimization and efficient convergence of
the multimodal diffusion model, illustrated in Figure 4.

In the first stage, the model is trained on vision-only data
to learn spatial-temporal representations by jointly optimiz-
ing the self-attention layers, cross-attention layers, visual
modality experts, visual adaptor layer, and visual head. In
the second stage, only the auditory modality experts, au-
ditory adaptor layer, and auditory head are fine-tuned on
audio-only data while freezing all other components, in-
cluding shared attention modules and vision-related layers,
to preserve previously acquired visual capabilities and pre-
vent strong visual priors from suppressing auditory repre-
sentation learning. The reward token is incorporated into
the auditory sequence to enable joint modeling of auditory
patterns and their associated rewards. In the third stage,
visual and auditory inputs are concatenated and the entire
network undergoes end-to-end fine-tuning on synchronized
audio-visual data, allowing all parameters to be jointly op-
timized for deeper multimodal fusion and improved consis-
tency across generated visual frames, audio segments, and
predicted rewards within the unified temporal diffusion pro-
cess.
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Table 2. Performance under fixed-step generation mode during training stages. We report the mean and standard deviation for each metric
calculated over three runs. ’∅’ marks that the model does not produce outputs for this modality at this stage. Cell colors indicate relative
performance compared to our final model (last row). Green and red shades denote better and worse results respectively, with color intensity
reflecting the magnitude of the difference.

Training stages Vision Audio Reward
LPIPS↓ DreamSim↓ PSNR↑ FID↓ LSD↓ SSIM↑ FAD↓ MSE↓

Pretrained NWM 0.628± 0.000 0.516± 0.000 11.828± 0.001 89.412± 0.058 ∅ ∅ ∅ ∅
Training Stage 1 0.382± 0.000 0.258± 0.000 16.539± 0.001 25.906± 0.034 ∅ ∅ ∅ ∅
Training Stage 1+2 ∅ ∅ ∅ ∅ 1.297± 0.000 0.531± 0.000 2.684± 0.001 0.889± 0.006
Training Stage 1+2+3 (ours) 0.382± 0.000 0.255± 0.000 16.504± 0.005 24.347± 0.023 1.311± 0.000 0.547± 0.000 2.391± 0.001 0.746± 0.002

Table 3. Performance under rollout generation mode during training stages. Other settings are the same as the Table 2.

Training stages Vision Audio Reward
LPIPS↓ DreamSim↓ PSNR↑ FID↓ LSD↓ SSIM↑ FAD↓ MSE↓

Pretrained NWM 0.667± 0.000 0.557± 0.000 11.435± 0.008 87.335± 0.097 ∅ ∅ ∅ ∅
Training Stage 1 0.414± 0.000 0.278± 0.000 15.941± 0.005 26.227± 0.032 ∅ ∅ ∅ ∅
Training Stage 1+2 ∅ ∅ ∅ ∅ 1.628± 0.000 0.544± 0.000 1.645± 0.004 0.062± 0.000
Training Stage 1+2+3 (ours) 0.407± 0.000 0.272± 0.000 16.019± 0.006 23.871± 0.073 1.620± 0.000 0.577± 0.000 1.315± 0.002 0.052± 0.000

5. Experiments and Results

5.1. Experimental Setting

Evaluation Metrics. For the image results, following prior
works on unimodal visual world models [4, 33], we ap-
ply LPIPS [38] and DreamSim [12] to measure perceptual
similarity between predicted and ground-truth frames based
on deep visual features, PSNR for pixel-level quality, and
Fréchet Inception Distance (FID) [17] to evaluate the gen-
erated data distribution.

For the audio results, since the AVWM formulation re-
quires a much higher degree of temporal and perceptual
consistency between the generated and ground-truth audio
than typical audiovisual generation tasks [20, 28], we adopt
not only Fréchet Audio Distance (FAD) [19] to assess over-
all audio realism, but also several fine-grained metrics com-
monly used in audio-related generation tasks such as speech
restoration [23], and audio super-resolution [21]. Specif-
ically, we compute Log-Spectral Distance (LSD) [11] to
evaluate frequency-domain deviation and Spectral Struc-
tural Similarity (SSIM) [30] to measure structural coher-
ence between predicted and reference spectrograms. Since
our model generates binaural audio, all audio metrics are
computed independently on each channel and then aver-
aged. Additionally, for FAD evaluation, both the generated
and ground-truth audio signals are zero-padded to ensure
compatibility with the VGGish model used for feature ex-
traction.

For the reward prediction results, we directly employ the
Mean Squared Error (MSE) as the evaluation metric.
Encoder Configuration. For the visual encoder, we use
the Stable Diffusion [5] VAE tokenizer, similar to that em-
ployed in DiT [26] and CDiT. For the auditory encoder,
we trained a SoundStream [36] tokenizer on AVW-4k, sim-
ilar to that employed in AVDiT [20]. Notably, we re-
move one extraction block from the original SoundStream

encoder–decoder architecture to better accommodate the
shorter audio segments in our dataset.
Training Details. For the implementation of the stage-
wise training strategy, we first fine-tune a pretrained NWM
model [4] of base size on the visual subset of the AVW-
4k dataset. The model has been pre-trained on large-scale
visual datasets and thus possesses certain visual reasoning
capabilities. The parameters of its CDiT blocks, including
those of the self-attention, cross-attention, and feed-forward
layers, are then used to initialize the corresponding layers
of an AV-CDiT model of identical size, marking the com-
pletion of the first stage of the stagewise training. Subse-
quently, we continue fine-tuning the model through the re-
maining two stages to complete the full stagewise training
process.

The AV-CDiT model is trained with a context length of
4 frames. During training, each sample randomly selects 4
different navigation goals within a temporal window of ±16
frames around the current timestep for prediction, following
the training paradigm of CDiT.

We use the AdamW optimizer for training. The learn-
ing rates are set to 1.6 × 10−4, 8 × 10−4, and 1.6 × 10−4

for the three stages of training. The total batch sizes for
the three stages are 512, 768, and 128, respectively. All ex-
periments are conducted on a single machine equipped with
eight NVIDIA A100 GPUs.

5.2. Performance Evolution during Training Stages

Setup. We report the generative performance across the
complete training stages, including a pre-trained NWM
without training on AVW-4k, AV-CDiT fine-tuned on im-
ages (after stage 1), on audio with task reward (after stage
2), and jointly on both modalities (after stage 3).

For each experimental configuration, we perform pre-
diction and evaluation under two generation modes. In the
fixed-step generation mode, given a specified temporal off-
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Figure 5. Qualitative analysis. Left and right respectively show image and audio generation results of our model and two ablated variants
under the fixed-step and rollout modes.

Table 4. Ablation under fixed-step generation mode. We report the mean and standard deviation for each metric calculated over three runs.
Cell colors indicate relative performance compared to our final model (last row). Green and red shades denote better and worse results
respectively, with color intensity reflecting the magnitude of the difference.

Ablation Vision Audio Reward
LPIPS↓ DreamSim↓ PSNR↑ FID↓ LSD↓ SSIM↑ FAD↓ MSE↓

w/o modality experts 0.378± 0.000 0.253± 0.000 16.536± 0.002 24.342± 0.011 1.366± 0.000 0.485± 0.000 2.772± 0.001 1.357± 0.008
w/o stagewise training 0.380± 0.000 0.253± 0.000 16.545± 0.002 24.466± 0.007 1.371± 0.000 0.485± 0.000 2.758± 0.001 1.294± 0.006
AV-CDiT (ours) 0.382± 0.000 0.255± 0.000 16.504± 0.005 24.347± 0.023 1.311± 0.000 0.547± 0.000 2.391± 0.001 0.746± 0.002

Table 5. Ablation under rollout generation mode. Other settings are the same as the Table 4.

Ablation Vision Audio Reward
LPIPS↓ DreamSim↓ PSNR↑ FID↓ LSD↓ SSIM↑ FAD↓ MSE↓

w/o modality experts 0.403± 0.000 0.270± 0.000 16.013± 0.001 23.860± 0.072 1.668± 0.000 0.515± 0.000 2.007± 0.003 0.038± 0.000
w/o stagewise training 0.404± 0.000 0.269± 0.000 16.089± 0.004 24.180± 0.051 1.614± 0.000 0.507± 0.000 2.007± 0.007 0.040± 0.000
AV-CDiT (ours) 0.407± 0.000 0.272± 0.000 16.019± 0.006 23.871± 0.073 1.620± 0.000 0.577± 0.000 1.315± 0.002 0.052± 0.000

set ∆t, the model directly predicts the outcome at frame
t+∆t. We iterate ∆t over a 16-frame horizon ahead of the
current frame. In the rollout generation mode, the model
performs autoregressive prediction, where each generated
frame is recursively used as input to produce the subsequent
frame until reaching frame t+ 16.
Results. As shown in Tables 2 and 3, the three-stage
training strategy effectively enables the model to maintain
strong generative performance across both visual and audi-
tory modalities.

After the first stage, the model’s visual generation quality
improves substantially. After the second stage, the model
develops the ability to reasoning on auditory modality and

generate plausible auditory outputs. After the third stage,
the model not only retains the modality-specific knowledge
learned in the previous stages-thus avoiding catastrophic
forgetting-but also achieves better cross-modal alignment
and joint representation learning, leading to further im-
provements in generation quality, particularly in the audi-
tory modality.

5.3. Ablations
Setup. We conduct ablation studies to verify the effects
of the modality experts and the stagewise training strategy.
Specifically, we report the generative performance under
two ablated settings. In the first setting, the modality ex-
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Figure 6. Temporal evolution of audio generation quality and re-
ward prediction in step-fixed mode. The curves show the aver-
aged performance of AV-CDiT and ablated variants over four fu-
ture time-step intervals.

perts are removed and replaced with a shared feed-forward
network, where the audio and visual token sequences are
jointly processed. In the second setting, the modality ex-
perts are retained, but the model is directly fine-tuned on
both modalities simultaneously. As in Section 5.2, we re-
port results under both generation modes.
Results. As shown in Tables 4 and 5, after introduc-
ing modality experts and applying the stagewise training
strategy, AV-CDiT maintains comparable generative perfor-
mance in the visual modality, while exhibiting a remark-
able improvement in the auditory modality. This result fur-
ther validates our hypothesis that both modality experts and
stagewise training helps preserve the model’s visual gener-
ation capability while preventing the dominant visual repre-
sentations from overwhelming the auditory branch. In other
words, this strategy effectively mitigates modality imbal-
ance and enables the model to better learn and generate au-
dio signals in a coordinated manner.

Figure 5 presents qualitative comparisons among AV-
CDiT and its ablated variants under both generation modes,
while Figure 6 illustrates the temporal evolution of audio
and reward prediction metrics across time steps under step-
fixed generation mode, highlighting consistent improve-
ments of AV-CDiT over the ablated models.

5.4. Planning with an Audio-Visual World Model

Setup. We evaluate the planning capability of AV-CDiT
on the continuous audio-visual navigation (continuous AV-
Nav) [8] task, where an agent navigates in a continuous 3D
environment with egocentric RGB observations and binau-
ral audio streams, and an episode is deemed successful if
the agent issues a stop action within 1m of the target sound
source.

Table 6. Performance improvement of the continuous AV-Nav
agent with the integration of AVWM. ‘Oracle WM’ denotes an
upper bound obtained by replacing the imagined audio-visual out-
comes and predicted task reward from AVWM with the ground-
truth environment feedback. Except for NA, all metrics have been
converted to percentages.

SR ↑ SPL↑ SoftSPL ↑ NA↓ SNA ↑
AV-Nav Agent 55.30 45.08 55.09 332.817 6.44
B = 3 k = 4 AVWM 55.20 45.70 56.54 321.11 6.67

Oracle WM 59.40 51.02 60.71 300.35 8.36
k = 5 AVWM 56.50 47.38 56.53 317.19 7.09

Oracle WM 60.10 51.98 61.44 297.68 8.53
B = 4 k = 4 AVWM 55.90 46.46 57.00 317.99 6.87

Oracle WM 59.80 51.64 60.58 298.25 8.48
k = 5 AVWM 56.40 46.74 57.24 317.82 6.84

Oracle WM 58.70 50.50 60.58 301.52 8.17

Figure 7. Comparison of navigation trajectories produced by three
agents: the baseline AV-Nav agent (green), the AV-Nav agent en-
hanced with AVWM planning (red; n = 2, B = 3, k = 5), and
the upper-bound AV-Nav agent augmented with an oracle world
model (blue).

The dataset of continuous AV-Nav is constructed on the
SoundSpaces 2.0 simulation platform and the Matterport3D
scenes, sharing the same action space as AVW-4k. The per-
step reward consists of a success bonus, a constant negative
step penalty, and the reduction in the shortest-path distance
to the sound source, which aligns with the reward formula-
tion used in AVW-4k. Therefore, the AVWM pretrained on
AVW-4k can be directly applied to the continuous AV-Nav
task without additional fine-tuning.

Specifically, we employ the following algorithm to en-
hance a pretrained baseline AV-Nav agent [8] using a
trained AVWM.

At each environment timestep t, instead of sampling only
one action from the current policy, the agent samples n can-
didate actions from its policy distribution. Each candidate
action is then propagated through the world model for a k-
step audio-visual rollout, producing predicted observations
and rewards for the future sequence. At each rollout step,
the predicted immediate reward from AVWM is combined
with the policy network’s value estimation, discounted over
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time, to compute the cumulative branch score. A beam
search procedure is performed across rollout steps to retain
up to B top-scoring action sequences. After the lookahead
process is completed for the current timestep, the sequence
with the highest cumulative score is selected, and its first
action is executed in the real environment.

We report navigation performance under different beam
widths B and rollout lengths k with the number of candi-
date actions to n = 2. The performance is evaluated using
these common navigation metrics: success rate (SR), suc-
cess weighted by path length (SPL), softSPL, number of
actions (NA), and success normalized by action (SNA).
Results. As shown in Table 6, incorporating AVWM into
the planning process effectively enhances the agent’s navi-
gation performance under proper parameter configurations.
In particular, the improvement in navigation efficiency, re-
flected by a significant reduction in the number of actions
(NA), is especially pronounced. This is because AVWM
enables the agent to evaluate multiple possible future out-
comes before acting, leading to more informed and goal-
directed decisions that reduce unnecessary exploration and
shorten trajectories. Figure 7 illustrates a comparison of
navigation trajectories under different settings.

6. Conclusion
In this paper, we introduced Audio-Visual World Mod-
els (AVWMs), a framework for simulating synchronized
audio-visual dynamics under precise action control with
task rewards. We constructed AVW-4k, a dataset of bin-
aural audio-visual trajectories with fine-grained actions and
rewards, and proposed AV-CDiT, a diffusion-based trans-
former with modality experts and stagewise training for bal-
anced multimodal prediction. Our paradigm enables coher-
ent and controllable simulation of multimodal futures and
task-level reasoning. Moreover, by turning audio-visual
imagination into forward action evaluation, AVWM pro-
vides a general mechanism for multisensory planning in
embodied agents, advancing intelligent interaction in com-
plex environments.
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