
AnyTalker: Scaling Multi-Person Talking Video Generation
with Interactivity Refinement

Zhizhou Zhong1,2 Yicheng Ji2,3 Zhe Kong1 Yiying Liu2∗ Jiarui Wang2 Jiasun Feng2

Lupeng Liu2,4 Xiangyi Wang2,4 Yanjia Li2 Yuqing She2,4 Ying Qin4 Huan Li3

Shuiyang Mao2 Wei Liu2 Wenhan Luo1†

1Hong Kong University of Science and Technology 2Video Rebirth
3Zhejiang University 4Beijing Jiaotong University

Homepage: https://hkust-c4g.github.io/AnyTalker-homepage

Code: https://github.com/HKUST-C4G/AnyTalker

Gestures

Lively

Interactive

Animal

Figure 1. We propose AnyTalker, a powerful audio-driven framework for interactive multi-person video generation. It can generate natural
videos that are rich in gestures, lively emotions, and interactivity, and can freely generalize to arbitrary IDs or even non-human cases.

Abstract

Recently, multi-person video generation has started to gain
prominence. While a few preliminary works have explored
audio-driven multi-person talking video generation, they of-
ten face challenges due to the high costs of diverse multi-
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person data collection and the difficulty of driving multiple
identities with coherent interactivity. To address these chal-
lenges, we propose AnyTalker, a multi-person generation
framework that features an extensible multi-stream process-
ing architecture. Specifically, we extend Diffusion Trans-
former’s attention block with a novel identity-aware at-
tention mechanism that iteratively processes identity–audio
pairs, allowing arbitrary scaling of drivable identities. Be-
sides, training multi-person generative models demands
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massive multi-person data. Our proposed training pipeline
depends solely on single-person videos to learn multi-
person speaking patterns and refines interactivity with only
a few real multi-person clips. Furthermore, we contribute a
targeted metric and dataset designed to evaluate the nat-
uralness and interactivity of the generated multi-person
videos. Extensive experiments demonstrate that AnyTalker
achieves remarkable lip synchronization, visual quality, and
natural interactivity, striking a favorable balance between
data costs and identity scalability.

1. Introduction
In the era of digital media, video creation has emerged as
a crucial component of media platforms. Podcasts, live-
streaming sales, and entertainment programs often feature
rich multi-person interactions, resulting in a growing de-
mand for multi-person video generation. Despite the ad-
vent of large-scale video generation models [4, 28, 59, 70],
which have furnished robust backbone architectures for
audio-driven talking video generation methods [7, 11, 14,
15, 24, 26, 31, 35, 69], enabling the creation of realistic lip
movements for single subjects, these models still struggle to
accommodate the complexities of multi-person interactions.

This limitation has prompted multi-person driving ap-
proaches that scale to arbitrary numbers of persons, han-
dle multi-stream signals, and enable differentiated control
over each subject. Despite recent advances [23, 31, 63]
that propose solutions for handling multi-stream audio sig-
nals, these methods typically require hundreds to thousands
of hours of meticulously curated multi-person data, lead-
ing to prohibitive collection costs and limited reproducibil-
ity. Specifically, the challenge of gathering training data for
multi-person scenarios is heightened by their complex dy-
namics, including turn-taking, role-switching, and nonver-
bal cues like eye gaze, which complicate data annotation.
Most existing audio-visual datasets [9, 11, 33, 41, 65, 80]
focus on single-person monologues or isolated facial ani-
mations, thereby limiting their applicability for training the
audio-driven multi-person generation model. In addition,
current multi-person driving approaches frequently struggle
to model genuine interactivity, leading to unnatural results.

To address the aforementioned challenges, we introduce
an innovative driving framework named AnyTalker. Built
on the pre-trained video diffusion model [59], AnyTalker
achieves impressive multi-person video driving with re-
markably low data costs and a distinct emphasis on interac-
tivity, as illustrated in Fig. 1. The central idea is to leverage
low-cost single-person data for scalable multi-person video
driving and refine interactivity with just a small amount
of multi-person data (as little as 12 hours). Specifically,
AnyTalker supports extending the number of drivable iden-
tities (IDs) to arbitrary numbers, with guaranteed interac-

tivity among all IDs. To accommodate multi-stream control
signals, we design an extensible audio-to-face in-context at-
tention mechanism supporting any number of IDs and audio
inputs. The training process is divided into two stages based
on the types of data used, with the number of speaker IDs
in individual data samples evolving from one to many. In
the first stage, we randomly concatenate single-person talk-
ing videos along the horizontal dimension to simulate multi-
person talking scenarios, ensuring that the model acquires a
baseline capacity for multi-person speaking patterns. In the
second stage, we fine-tune the model using a small amount
of multi-person data to enhance its interactive capabilities.

Commonly used single-person talking head bench-
marks [65, 80, 81] lack multi-person interactions, render-
ing them unsuitable for assessing multi-person generation
methods. While InterActHuman [63] offered a related
benchmark, it focuses on single speakers, limiting its utility
for interaction analysis. To address this limitation, we intro-
duce a meticulously annotated benchmark featuring videos
of two individuals engaging in both speech and eye contact,
with fine-grained labels that mark the speaking and listen-
ing intervals, thus facilitating the assessment of interactions
during listening states. Additionally, we firstly introduce a
novel metric to evaluate interactivity by measuring the ac-
tivity of eye keypoints during listening periods. The pro-
posed benchmark and metric will fill the gap in the assess-
ment of interactivity in multi-person generation methods,
benefiting future research in this area.

The main contributions are summarized as follows: (1)
We present an extensible multi-stream processing archi-
tecture for multi-person generation that can scale drivable
identities arbitrarily. (2) A novel two-stage training pipeline
is introduced for the model to learn multi-speaker speak-
ing patterns from single-person data and achieve seam-
less inter-identity interactions via multi-person data refine-
ment. (3) We propose a new metric that quantitatively eval-
uates multi-person interactivity for the first time, accom-
panied by a tailored benchmark dataset for thorough as-
sessment. (4) Comprehensive experiments demonstrate that
AnyTalker achieves state-of-the-art performance and strikes
a favorable balance among identity scalability, interactivity,
lip synchronization, and data cost.

2. Related Work

2.1. Audio-driven Talking Video Generation

Recent key advancements [19, 20, 44, 50, 75] in text-to-
image fields have significantly catalyzed progress in down-
stream applications. Early efforts like EMO [55] extend
pre-trained diffusion text-to-image models [50] to end-
to-end audio-driven virtual-human video generation [6, 8,
25, 34, 43, 60, 66, 73]. They typically integrate mod-
ules for temporal attention [17], identity control via Ref-
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Figure 2. (a) The architecture of AnyTalker, which incorporates a novel multi-stream audio processing layer, Audio-Face Cross Attention,
enables the handling of multiple facial and audio inputs. (b) The training of AnyTalker is divided into two stages: the first stage uses
concatenated multi-person data derived from single-person data mixed with single-person data to learn accurate lip movements; the second
stage employs authentic multi-person data to enhance the interactivity in generated videos. (c) The detailed implementation of Audio-Face
Cross Attention, a recursively callable structure that applies masking to the output using face masks.

erenceNet [22, 30, 74, 82], and audio-conditioning using
pre-trained audio processing models [1, 47, 51], with con-
ditional signals injected via cascaded attention layers [58].
Video foundation models [4, 28, 59, 70, 76] enable end-to-
end, audio-driven virtual-human models [11, 15, 24, 26, 35,
40, 56, 69]. These works largely employ audio-injection
practices from earlier methods [25, 55] and report break-
throughs in long-video generation [11, 69], full-body syn-
thesis [35], driving non-human cases [14, 15], synchronized
lip movements [24], and coherent hand movements [40].
Consequently, they surpass earlier GAN-based generation
methods [16, 67, 78, 79] and image diffusion-based tech-
niques [44, 50] in terms of both quality and controllability.
However, most methods still target single-person scenarios;
in multi-person scenarios, they tend to synchronize identi-
cal motions or lip movements across all speakers, with re-
stricted multi-person interaction.

2.2. Multi-person Video Generation
Multi-person video generation has advanced rapidly
through specialized architectures, including portrait video
generation [42, 62], dancing video generation [68], and
talking video generation [23, 31, 63]. Within the audio-
driven talking-head axis, Bind-your-Avatar [23] introduces
a fine-grained Embedding Router that binds “who” with
“what they speak”. InterActHuman [63] trains a mask pre-
dictor to identify which body regions to activate, enabling

targeted control. MultiTalk [31] proposes Label Rotary Po-
sition Embedding [52] to address audio–person binding.
All three approaches above rely on expensive data, rang-
ing from hundreds to thousands of hours of multi-person
talking data. Some models [7, 39] trained on single-person
data generalize to multi-person driving through specialized
controllers: HunyuanVideo-Avatar [7] leverages a Face-
Aware Audio Adapter to activate attention across different
characters selectively, and Playmate2 [39] uses token-level
masking within a classifier-free guidance framework to re-
alize similar binding. Despite enabling multi-person out-
puts, these approaches might yield fragmented interactions
across distinct characters, with limited interactivity between
individuals.

In this work, AnyTalker explores the potential of learn-
ing multi-person speaking patterns from single-person data
and designs an extensible multi-stream audio processing at-
tention architecture, achieving a favorable balance among
interactivity, identity scalability, and lip synchronization in
the generated videos with low training data cost.

3. Method

The overall framework of the proposed AnyTalker is il-
lustrated in Fig. 2. AnyTalker inherits certain architec-
tural components from the Wan I2V model [59]. To han-
dle multi-stream audio and identity input, we introduce a
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specialized multi-stream processing structure, termed as the
Audio-Face Cross Attention (AFCA), which will be further
described in Sec. 3.2. Our training pipeline is divided into
two stages, which are summarized in Sec. 3.3.

3.1. Preliminaries
As a DiT-based model, AnyTalker tokenizes the 3D VAE
features fvideo through patchifying and flattening, whereas
the text features ftext are generated by the T5 encoder [48].
Additionally, AnyTalker incorporates Reference Attention
Layer, a cross-attention mechanism that leverages the CLIP
image encoder [46] ECLIP to extract features fref from the
first frame of the video. Wav2Vec2 [1] is also applied to
extract the audio feature faudio. The overall input features
finput can be written as

finput = [fvideo, ftext, fref , faudio]. (1)

Consistent with the Wan model, all attention layers are con-
nected to the final output FFN layer (omitted in Fig. 2).

3.2. Audio-Face Cross Attention
To enable multi-person talking, the model must be capable
of handling multi-stream audio inputs. Potential solutions
may include the L-RoPE technique used in MultiTalk [31],
which assigns unique labels and biases to different audio
features. However, the range of these labels needs to be
explicitly defined, which limits its scalability. Considering
this, we design a more extensible structure to drive multiple
IDs and enable accurate control in a scalable manner. As
depicted in Fig. 2 (a) and (c), we introduce a specialized
structure named Audio-Face Cross Attention (AFCA). The
structure can iterate through a loop multiple times, contin-
gent upon the number of input face-audio pairs. As illus-

trated in Eq. (4) and Fig. 2 (c), it enables flexible processing
of diverse audio and identity inputs, with summed outputs
from each iteration yielding the final attention output.
Audio Token Modeling. We employ Wav2Vec2 [1] to en-
code audio features. The first latent frame attends to all au-
dio tokens, whereas each subsequent latent frame focuses
only on a local temporal window corresponding to four au-
dio tokens. This structured alignment between video and
audio streams is achieved by applying a Temporal Atten-
tion Mask Mtemporal, as explicitly shown in Fig. 3 (a). Fur-
thermore, to enable comprehensive information integration,
each audio token faudio utilized in the AFCA computation is
concatenated with a face token fface encoded by ECLIP. This
concatenation allows all video query tokens Qvideo to attend
to different pairs of audio and face information effectively,
as computed below:

Kaf = Concat(faudio, fface) ·WK ,

Vaf = Concat(faudio, fface) ·WV ,

Attnout = MHCA(Qvideo,Kaf, Vaf,Mtemporal).

(2)

Here, MHCA denotes Multi-Head Cross Attention, while
WK and WV represent the key matrix and value matrix, re-
spectively. The attention output Attnout will later be refined
by the face mask token, as described in Eq. (3).
Face Token Modeling. The facial image is obtained by
online cropping the first frame of the selected video clip us-
ing InsightFace [13] during training, while the facial mask
Mface is precomputed offline to cover the maximum extent
of the face mask across the entire video, i.e., the global
face bounding box. This mask ensures that facial move-
ments will never exceed this region, preventing the mask
from incorrectly activating video tokens after the reshape
and flatten operations shown in Fig. 3 (b), especially for
videos with significant facial displacements. This mask,
which shares the same dimensions as Attnout, can be directly
employed for element-wise multiplication to compute the
Audio-Face Cross Attention output, as formulated below:

Mtoken = Patchify(Flatten(Mface)),

AFCAout = Mtoken ⊙ Attnout.
(3)

Consequently, the hidden state Hi of each I2V DiT block
can be formulated as

H
′

i = Hi + AFCA(1)
out + · · ·+ AFCA(n)

out , (4)

where i represents the layer index of the attention block, and
n denotes the number of IDs. Note that all AFCAout terms
are produced by the same AFCA layer with shared parame-
ters. The AFCA computation is applied n times iteratively,
once for each individual. This architecture enables the num-
ber of drivable IDs to scale arbitrarily.



Motion = 0.62

Motion = 2.93

Motion = 1.79

Motion = 0.42

Motion = 0.58

Motion = 0.36

…

…

…

High Interactivity Clip Low Interactivity Clip

spin

raise
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3.3. Training Strategy
AnyTalker explores the potential of single-person data
for learning multi-person speaking patterns, with low-cost
single-person data comprising the majority of training data.
Single-Person Data Pretraining. We train the model using
both standard single-person data and synthetic two-person
data generated by horizontal concatenation. With an equal
50% probability, each batch of data is randomly configured
to either two-person or single-person mode, as depicted
in Fig. 2 (b). In two-person mode, each sample within
the batch is horizontally concatenated with the data at the
next index, along with its corresponding audio. This ap-
proach keeps the batch size identical across the two modes
for every data batch. Additionally, we have predefined sev-
eral generic text prompts that describe dual people speaking
when data concatenation happens.

Although the above data construction strategy enhances
the model’s ability to localize audio-visual features within
local regions and learn speaking patterns of dual speakers,
completely omitting the single-person data is not feasible.
Doing so would significantly degrade the model’s perfor-
mance on generating accurate lip movements, leading to
unstable driving results, which we later discuss in Tab. 4.
Multi-person Data Refinement. In the next stage, we re-
fine the model using a small amount of authentic multi-
person data to enhance the interactivity within different IDs.
Although our training data contains only interactions be-
tween two identities, we surprisingly find that our model
equipped with the AFCA module naturally generalizes to
scenarios with more than two IDs, as shown in Fig. 1. We
speculate that this is because the AFCA mechanism enables

learning general patterns of human interaction, including
not only accurate lip-syncing to the audio but also listening
and responsive behaviors to other IDs’ speaking actions.

To construct high-quality multi-person training data, we
construct a rigorous quality control pipeline, using Insight-
Face [12] to ensure two faces in most frames, audio diariza-
tion [45] to separate audio and ensure there is only one or
two speakers, optical flow [27] to filter excessive motion,
and Sync scores [10] to pair audio with faces. More de-
tails about this pipeline are in the supplementary material.
This pipeline yields a total of 12 hours of high-quality dual-
person data, which is a small amount compared to previous
methods [31, 39, 63]. As the design of AnyTalker’s AFCA
Layer inherently supports multi-ID inputs, two-person data
is fed into the model in the same format as the concatenated
data in the first stage, with no extra processing required.

To summarize, the single-person data training process
enhances the model’s lip-syncing capability and genera-
tion quality, while also learning a generalized multi-person
speaking pattern. Subsequently, lightweight multi-person
data refinement compensates for the real interactions that
cannot be fully covered by single-person data.

4. Interactivity Evaluation
Despite progress, the prevailing evaluation benchmarks [65,
80, 81] for single-person talking head generation are in-
adequate for assessing natural interactions among charac-
ters. Although InterActHuman [63] introduces a compara-
ble benchmark, its test set is limited to scenarios with only
one speaker, which is not conducive to evaluating interac-
tions among multiple characters. To fill this gap, we have



L1
Time

Time

Speakerleft

Speakerright

L2

L3

L4

Figure 5. Listening and speaking periods of each speaker.

curated a collection of videos featuring two distinct identi-
ties, sourced from the web for evaluation purposes.

4.1. Dataset Construction
We select interactive two-person videos to construct the
video dataset, named InteractiveEyes. Two clips of these
videos are illustrated in Fig. 4. Each video is approxi-
mately 10 seconds in duration and showcases exactly two
faces throughout the entire segment. Furthermore, through
a meticulous manual process, we segment the audio of
each video to ensure that the majority of the videos capture
scenes of both individuals engaging in speaking and listen-
ing, as well as a variety of rich eye interaction scenarios,
as shown in Fig. 5. We have also ensured that each video
includes instances of mutual gaze and head movements to
provide authentic references.

4.2. Proposed Interactivity Metric
In addition to this dataset, we introduce a novel metric, the
eye-focused Interactivity, designed to assess the natural in-
teraction between speakers and listeners. Since eye inter-
action is a fundamental and spontaneous behavior in con-
versational contexts, we use it as a key indicator of interac-
tivity. Drawing inspiration from the Hand Keypoint Vari-
ance (HKV) metric employed in CyberHost [34], we pro-
pose a quantitative evaluation of the interaction by tracking
the motion amplitude of eye keypoints.

To achieve this, we define Motion on the sequence of
face-aligned eye keypoints extracted from the generated
frames, where S denotes the frame sequence and E the eye
keypoints. The Motion is calculated as follows

Motion =
1

|S| − 1

|S|−1∑
j=1

 1

|E|

|E|∑
i=1

|Ei,j+1 − Ei,j |

 .

(5)
Here, i and j denote the eye keypoint index and the frame
index, while Ei,j denotes eye keypoints present in each
frame. This formula intuitively computes the displacement
and rotation of the eye region. We then calculate the mo-
tion during listening periods. The reason is, most gener-
ation methods perform well when activating the speaking
subject, but the listening subject often appears rigid. There-

fore, evaluating during listening periods is more targeted
and valuable. The lengths of the listening and speaking
periods of each person are described in Fig. 5, denoted as
L1, L2, L3, L4, respectively. To quantify the responsiveness
of the generated avatars, we compute the average motion in-
tensity during the listening phases L2 and L3:

Interactivity =
L2 ·MotionL2 + L3 ·MotionL3

L2 + L3
. (6)

This metric measures the interactivity effectively in the gen-
erated multi-character videos. As Fig. 4 suggests, the pro-
posed metric aligns well with human perception: static or
sluggish eye movements receive low Motion scores, while
head turns and eyebrow raises increase the score thus indi-
cating higher interactivity. Moreover, to avoid misjudging
abnormal eye movements, we implemented an exclusion al-
gorithm detailed in the supplementary materials.

5. Experiments

Dataset. We expand single-person datasets [9, 11, 65,
80, 81] with internet-collected data, yielding roughly 1,000
hours for first-stage training, and also gather two-person
conversation clips for the second-stage training, retaining
only about 12 hours after filtering. Evaluations are con-
ducted on two types of benchmarks: (i) standard talking-
head benchmarks HDTF [80] and VFHQ [65], and (ii) our
self-collected multi-person conversation dataset (head-and-
body, both identities speak). We then select 20 videos from
each benchmark, rigorously ensuring that their identities do
not appear in the training set.
Implement Details. To comprehensively evaluate our
method, we train two models of different sizes: Wan2.1-
1.3B-Inp and Wan2.1-I2V-14B [59], which serve as the
foundational video diffusion models for our experiments. In
all stages, the text [48], audio [1], and image [46] encoders,
as well as the 3D VAE, remain frozen. The DiT main net-
work, including the newly added AFCA layers, has all its
parameters open for training. Stage 1 pretrains at 2× 10−5

learning rate; stage 2 fine-tunes at 5×10−6. All models are
optimized with AdamW [36] on 32 NVIDIA H200 GPUs.
Evaluation Metrics. For the single-person benchmark, we
employ several commonly used metrics: the Fréchet Incep-
tion Distance (FID) [18] and the Fréchet Video Distance
(FVD) [57] to assess the quality of the generated data, Sync-
C [10] to measure the synchronization between audio and
lip movements, and ID similarity [12] calculated between
the first frame and the remaining frames.

For the multi-person benchmark, we evaluate from dif-
ferent dimensions. The newly introduced metric, termed
Interactivity, serves as the primary metric for assessment.
For the FVD metric, the calculation is similar to that in the
single-person benchmark. For the Sync-C metric, we refine



Table 1. Quantitative comparison with other competing methods on HDTF [80] and VFHQ [65] benchmark. Here, OmniHuman-1.5∗ [26]
refers to its “Master Mode” version accessed via the JiMeng platform [5], which currently does not support multi-person generation.

Method Supported Generation Scope HDTF VFHQ

multi-person body Sync-C↑ FID↓ FVD↓ ID↑ Sync-C↑ FID↓ FVD↓ ID↑

AniPortrait [64] × × 3.44 18.74 241.84 0.94 2.63 28.54 269.24 0.95
FantasyTalking [61] × ✓ 3.97 14.93 166.79 0.93 3.57 24.83 272.13 0.94

StableAvatar [56] × ✓ 4.11 14.67 166.44 0.91 3.53 22.91 275.73 0.88
EchoMimic [8] × × 5.23 61.53 381.55 0.95 4.87 58.72 486.75 0.86

Hallo3 [11] × × 7.53 17.12 195.61 0.91 6.32 41.26 371.24 0.91
Sonic [24] × × 7.81 52.96 286.12 0.95 7.71 36.68 385.37 0.89

OmniHuman-1.5∗ [26] × ✓ 7.23 35.26 173.23 0.90 7.67 35.36 283.39 0.90
MuitiTalk [31] ✓ ✓ 8.91 13.54 162.58 0.93 7.77 24.25 243.66 0.94

AnyTalker-1.3B ✓ ✓ 6.85 14.47 218.01 0.91 5.81 21.88 267.08 0.91
AnyTalker-14B ✓ ✓ 9.05 13.84 160.87 0.94 7.79 20.99 290.73 0.94

Table 2. Quantitative comparison with other competing methods
on the multi-person benchmark, InteractiveEyes.

Method Interactivity↑ Sync-C∗↑ FVD↓

Ground Truth 0.77 6.01 0

Bind-Your-Avatar [23] 0.45 3.03 695.58
MuitiTalk [31] 0.49 6.88 500.03

AnyTalker-1.3B 0.97 4.56 467.84
AnyTalker-14B 1.01 6.99 424.15

its calculation as Sync-C∗ to focus only on the lip synchro-
nization during each character’s speaking periods, thereby
avoiding the influence of long listening segments on the fi-
nal lip synchronization score, specifically,

Sync-C∗ =
L1 · Sync-CL1 + L4 · Sync-CL4

L1 + L4
. (7)

Here, L1 and L4 denotes the speaking phases depicted
in Fig. 5.
Comparsion Methods. We compare AnyTalker with
several state-of-the-art talking video generation methods.
For single-person generation, we compare with AniPor-
trait [64], EchoMimic [8], Hallo3 [11], Sonic [24], Fan-
tasyTalking [61], StableAvatar [56], OmniHuman-1.5 [26],
and MultiTalk [31]. For multi-person generation, we choose
Bind-Your-Avatar [23] and MultiTalk [31] for quantitative
and qualitative comparison.

5.1. Comparison with SOTA methods
Quantitative Comparison. To begin with, we compare
AnyTalker with several single-person generation methods
to verify its excellent single-person driving capability. The
quantitative results are shown in Tab. 1. Despite not being
specifically designed for driving talking faces, AnyTalker
achieves the best or competitive results across all metrics.

Moreover, the 1.3B model of AnyTalker significantly out-
performs AniPortrait [64], EchoMimic [8], and StableA-
vatar [56] in terms of lip synchronization, even though they
have a similar number of parameters. These results demon-
strate the excellent and comprehensive driving capabilities
of the AnyTalker framework.

Subsequently, we evaluate AnyTalker’s ability to drive
multiple IDs while maintaining both accurate lip synchro-
nization and natural interactivity using the multi-person
dataset, InteractiveEyes, described in Sec. 5, along with rel-
evant metrics. In this comparison, we contrast AnyTalker
with the available open-source multi-person driving meth-
ods, MultiTalk [31] and Bind-Your-Avatar [23]. The results
depicted in Tab. 2 demonstrate that both the 1.3B and 14B
models of AnyTalker achieve the best performance in terms
of the Interactivity metric. Additionally, the 14B model
achieves the best results across all metrics, thereby validat-
ing the effectiveness of our proposed training pipeline. We
further illustrate AnyTalker’s capability to generate videos
rich in interactivity through quantitative evaluation.
Qualitative Comparsion. We then select an authentic hu-
man input from the InteractiveEyes dataset and use an in-
put generated by an AIGC mode [54], both accompanied
by corresponding text prompts and dual audio streams, to
conduct a quantitative evaluation comparison using Bind-
Your-Avatar [23], MultiTalk [31], and AnyTalker. As shown
in Fig. 6, AnyTalker generates more natural videos with eye
and head interactions compared to the other methods. Mul-
tiTalk exhibits weaker eye interaction, while Bind-Your-
Avatar tends to produce more static expressions. This trend
further validates the effectiveness of the Interactivity metric
proposed in Sec. 5. AnyTalker not only generates natural,
two-person interactive speaking scenarios but also scales
well to multiple IDs, as demonstrated in Fig. 1, where it
effectively handles interactions among four IDs. The quali-
tative results of the single-person benchmarks [65, 80] will
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Table 3. Ablation study about AnyTalker’s components on the
HDTF dataset using the 1.3B model. “Baseline” denotes the
model equipped solely with the basic audio attention layers.
“AFCA” indicates the inclusion of the Audio-Face Cross Attention
mechanism. “Single” indicates that authentic multi-person data is
not utilized in this stage.

Setting Metrics

Sync-C↑ FID↓ FVD↓ ID↑

Baseline 5.42 13.01 170.96 0.90
w/o AFCA 6.71 14.97 207.47 0.88

w/o Mask Token 5.84 14.81 193.78 0.89
w/o Concatenated Data 6.21 14.73 202.01 0.91

AnyTalker-1.3B (Single) 6.97 15.58 166.27 0.91

be included in the supplementary material.

5.2. Ablation Study
Components. We conduct ablation studies on the three im-
portant components mentioned in Fig. 2, including Audio-
Face Cross Attention, Mask Token for attention output, and
concatenated multi-person data. Starting from the full 1.3B
model in the first stage, which utilizes only single-person
data, we progressively remove the relevant components to
evaluate their impact on lip synchronization, generation
quality, and identity similarity in the generated videos. The
results in Tab. 3 show that every component plays a signif-
icant role, with concatenated multi-person data most ben-
eficial to lip-movement accuracy. Although the completed
model in the initial phase exhibits a marginally higher FID
score compared to the Baseline model, we attribute this
to the Baseline model’s propensity for generating talking
videos with minimal facial expressions or head movements.

Table 4. Ablation studies conducted on the InteractiveEyes dataset
using the 1.3B model. “RS” denotes the use of authentic single-
person data in the first stage. “CM” indicates concatenated multi-
person data in the first stage. “RM” represents authentic multi-
person data in the second stage.

Setting Metrics

RS CM RM Interactivity↑ Sync-C∗↑ FVD↓

× ✓ × 0.55 3.21 672.18
✓ × × 0.47 4.13 475.31
✓ ✓ × 0.58 4.89 393.86

✓ × ✓ 0.71 3.63 511.51
✓ ✓ ✓ 0.97 4.56 467.84

Conversely, the completed model generates more dynamic
actions, which inherently influence the FID calculation to
some degree. We regard this trade-off as a natural conse-
quence of the model’s design. Furthermore, the completed
model demonstrates superior performance over the Baseline
model across other evaluation metrics. Crucially, the first-
stage model already has the basic capability to drive multi-
ple individuals, a feature that the Baseline model lacks.
Multi-Person Data. Subsequently, we focus on multi-
person data and conduct more targeted ablation experiments
on the InteractiveEyes benchmark. In the first stage, we
create concatenated multi-person data using single-person
data. As shown in Tab. 4, models utilizing this concate-
nated data outperform those without it across all evaluation
dimensions, especially in lip synchronization and interac-
tivity, highlighting the role of concatenated data in learning
multi-person speaking patterns. It is worth noting that the
results in the first row of the table also demonstrate the ne-
cessity of mixing single-person data in the first stage; oth-



erwise, the generated results would be unstable.
After fine-tuning with authentic multi-person data, mod-

els that use concatenated data in the first stage demonstrate
even more superior performance, further proving their early
adaptation to multi-person speaking patterns. Although
fine-tuning with authentic multi-person data leads to a slight
decrease in lip synchronization, it significantly improves in-
teractivity, which we consider a reasonable trade-off.

6. Conclusion
In this paper, we introduce AnyTalker, an audio-driven
framework for generating multi-person talking videos. It
presents an extensible multi-stream processing structure
called Audio-Face Cross Attention that enables identity
scaling while guaranteeing seamless cross-identity interac-
tions. We further propose a generalizable training strategy
that maximally leverages single-person data through
concatenation-based augmentation for learning multi-
person speaking patterns. Additionally, we propose the first
interactivity evaluation metric and a tailored benchmark
for comprehensive assessment. Extensive experiments
suggest that AnyTalker balances lip synchronization, iden-
tity scalability, and interactivity in multi-person scenarios.
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This supplementary material provides two sets of additional
information on AnyTalker.

A. Experimental Details
• Data-processing pipeline used during training
• Construction scheme for inference data
• Training hyper-parameters and other technical details
• Inference settings

B. Extended Experiments
• More analysis of the Interactivity metric
• Additional experimental results
• Effectiveness of interactivity refinement

A. Experimental Details

A.1. Training Data Processing
Auxiliary Models. We first introduce the auxiliary mod-
els used during the data processing stage. To seg-
ment sentences and chunk the audio track extracted from
each video, we employ the pre-trained speaker-diarization-
3.1 model [45] in conjunction with OpenAI’s Whis-
per [47]. For vocal separation and vocal feature extrac-
tion, we use pre-trained models from Kim Vocal 2 [53] and
Wav2Vec2 [1, 51]. For face detection and facial feature
processing, we adopt RetinaFace [13] and ArcFace [12],

https : / / huggingface . co / pyannote / speaker -
diarization-3.1

https://github.com/openai/whisper
https : / / github . com / Anjok07 /

ultimatevocalremovergui
https://huggingface.co/facebook/wav2vec2-base-

960h

video_path: …
n_frames: …
width: …
height: …
audio_emb_path: […]
text_emb_path: […]
face_bbox_path: […]
SyncNet_confidence: […]

Figure 8. Properties of training data.

both accessible via InsightFace. To measure audio-visual
synchronization, we employ the pre-trained SyncNet model
from LatentSync [32]. Text prompts are obtained with
Gemini 2.5 Pro, and their features are extracted using the
T5-encoder [48]. Finally, we filter videos with excessive
camera motion by means of the CoTracker model [27].
Single-Person Data. A valid single-person clip is a 24-fps
video that continuously exhibits one identifiable face and
is accompanied by speech audio whose lip movements are
perfectly synchronised with the soundtrack. We first elim-
inate hand-held recordings exhibiting pronounced camera
shake or abrupt scene changes using CoTracker [27]. Reti-
naFace [13] is then applied to guarantee that most frame
contains exactly one face. Videos that satisfy the above cri-
teria are processed by speaker-diarization-3.1 [45] to ob-
tain coarse sentence-level segments. Utterances longer than
5 s are further subdivided into semantically coherent units
with Whisper [47], after which any fragment containing
overlapping speakers is discarded. The remaining clean
single-speaker segments average ≈ 2 s in duration. Because
2 s clips cannot saturate GPU memory, we randomly con-
catenate consecutive segments to extend each sequence;
the resulting clip lengths follow a Gaussian distribution
with mean 4 s and standard deviation 0.5 s. Then, their
vocal tracks are extracted with Kim Vocal 2 [53] and en-

https://github.com/deepinsight/insightface
https://huggingface.co/ByteDance/LatentSync/

tree/main
https://deepmind.google/models/gemini/pro/
https://huggingface.co/Wan-AI/Wan2.1-I2V-14B-

720P/tree/main/google/umt5-xxl
https://huggingface.co/facebook/cotracker

https://huggingface.co/pyannote/speaker-diarization-3.1
https://huggingface.co/pyannote/speaker-diarization-3.1
https://github.com/openai/whisper
https://github.com/Anjok07/ultimatevocalremovergui
https://github.com/Anjok07/ultimatevocalremovergui
https://huggingface.co/facebook/wav2vec2-base-960h
https://huggingface.co/facebook/wav2vec2-base-960h
https://github.com/deepinsight/insightface
https://huggingface.co/ByteDance/LatentSync/tree/main
https://huggingface.co/ByteDance/LatentSync/tree/main
https://deepmind.google/models/gemini/pro/
https://huggingface.co/Wan-AI/Wan2.1-I2V-14B-720P/tree/main/google/umt5-xxl
https://huggingface.co/Wan-AI/Wan2.1-I2V-14B-720P/tree/main/google/umt5-xxl
https://huggingface.co/facebook/cotracker


Figure 9. Two cases from InteractiveEyes. Both of the speakers have speaking periods.

Figure 10. Input cases from the benchmark dataset, from left to
right: HDTF [80], VFHQ [65], and EMTD [41].

coded with Wav2Vec-2 [51], while audio-visual synchrony
is scored by SyncNet [32]. Clips whose synchrony score
lies below a pre-defined threshold are removed from the
training set. Finally, every retained clip is transcribed and
annotated with frame-level face bounding boxes. We then
use Gemini 2.5 Pro to generate textual descriptions for these
clips and employ a T5 encoder to extract text features. All
input text is uniformly truncated or padded to exactly 512
tokens. After being preceded by the above pipeline, it yields
approximately 1, 000 h of high-quality 480P single-person
data.
Two-Person Data. Processing Two-person clips follows
the single-person pipeline with three key modifications.
1. Face count: the video must contain exactly two faces in

most frame.
2. Speaker activity: speaker-diarization-3.1 [45] is con-

strained to output only two valid states: (i) both speakers
active or (ii) a single speaker active.

3. Spatial consistency: the left–right spatial ordering of
the two faces must remain unchanged throughout the en-
tire clip; identity swapping is detected and rejected via
InsightFace [13].

To establish the correct voice–face correspondence, we
compute a 2× 2 SyncNet confidence matrix (Fig. 7) and
requires the two largest scores to lie on the diagonal; other-
wise, the clip is discarded. A minimum synchrony threshold
identical to the single-person setting is further applied. Af-
ter filtering, approximately 12 h of clean two-person data
are retained.
Data Concatenation. During the first-stage training, we
horizontally concatenate randomly selected single-person
clips. Because the original videos are extremely high-
resolution (many 2K/4K), naively resizing them along the
height axis and stacking would yield faces that occupy only

a tiny fraction of the frame. To avoid this, we adopt a special
cropping strategy. First, we locate the face centre in each
of the two candidate clips. For 480P footage, the frame
size is (H, W)=(480,832), so we expand a minimal crop
of (480,416) around each face centre. We then apply fur-
ther augmentation: while keeping the crop inside the origi-
nal image, we randomly enlarge the window while preserv-
ing the 480/416 aspect ratio. The resulting crops contain
a much larger facial region, enabling the model to learn a
more accurate lip-to-audio mapping.
Data Properties. Each processed sample is summarised
by a dictionary-style item that stores the absolute paths to
the decoded video, cleaned audio, and pre-extracted fea-
tures. During training, the data loader indexes all informa-
tion through this item. Single-person and two-person clips
share an identical key structure; the number of face–speech
entries in the list unambiguously indicates whether the sam-
ple contains one or two speakers. Further details are illus-
trated in Fig. 8.

A.2. Benchmark Data Processing
Single-Person Data. We adopt HDTF [80] and VFHQ [65]
as the single-speaker evaluation benchmarks. Both datasets
are de facto standards for talking-head generation; their im-
ages are tightly cropped around the face region. Additional
experiments on half-body sequences that include hands are
reported in Sec. B.2.

For each test video, we supply (i) a single reference im-
age of the subject and (ii) the corresponding speech seg-
ment. To respect GPU-memory constraints, we fix the audio
length to 6 s—a duration that all competing methods pro-
cess without overflow. Twenty clips are randomly selected
from each dataset, ensuring that none of the identities ap-
pear in the AnyTalker training set. Reference images from
the three evaluation splits are visualised in Fig. 10.
Two-Person Data. We provide additional details for In-
teractiveEyes, the test set introduced in Section 4 in the
main text for two-speaker scenarios. Each video is shot
with a stable camera and contains exactly two faces in every
frame; the duration is approximately 10 s. In 80 % of the
cases, both speakers produce speech, while in the remain-
ing 20 % only one speaker talks and the other maintains a
listening pose. To avoid segmentation errors, we do not ap-
ply speaker-diarization-3.1 [45]; instead, speaking intervals
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Figure 11. Four typical cases that will get a high Interactivity score.

Table 5. Quantitative result on EMTD [41] benchmark.

Method Metrics

Sync-C↑ FID↓ FVD↓ ID↑

FantasyTalking [61] 3.76 67.66 818.71 0.76
EchoMimic v2 [41] 6.27 63.43 671.18 0.76

MultiTalk [31] 8.38 64.71 787.99 0.79

AnyTalker-1.3B 5.83 56.01 789.59 0.74
AnyTalker-14B 8.45 50.61 664.58 0.77

are manually annotated so that the Interactivity metric pro-
posed in the main paper can be computed accurately. Two
representative cases are shown in Fig. 9.

A.3. Implement Details
Training Details. To comprehensively evaluate our
method, we train two models of different sizes: Wan2.1-
1.3B-Inp and Wan2.1-I2V-14B [59], which served as the
foundational video diffusion models for our experiments.
In all stages, the text [48], audio [1], and image [46] en-
coders, as well as the 3D VAE, remained frozen with their
parameters unchanged. The DiT main network, including
the newly added AFCA Layers, had all its parameters open
for training. The first stage employs a higher learning rate
of 2 × 10−5 for pretraining, while the second stage uses a
lower learning rate of 5 × 10−6 for fine-tuning, incorpo-
rating a warm-up strategy and optimized using the AdamW
optimizer [36]. The 14B model is trained using 32 NVIDIA
H200 GPUs. In the first stage, the global batch size is set
to 32 and the model is trained for 2.4M steps. In the sec-
ond stage, the batch size is adjusted to 16, and the model
is trained for an additional 50K steps. The 1.3B model is
trained using 8 NVIDIA H200 GPUs. The global batch size

https://huggingface.co/alibaba-pai/Wan2.1-Fun-
1.3B-InP

is maintained at 48 throughout the training process, with the
total number of training steps being consistent with that of
the 14B model.
Inference Details. For all competing methods, we strictly
follow the publicly released implementations and adopt
their default recommended inference hyperparameters. Ap-
proaches that require textual input receive a fixed prompt
for the single-person benchmark: “this person is
talking”. For the multi-person benchmark, the prompts
are automatically generated by Gemini 2.5 Pro as described
in Sec. A.1. AnyTalker performs inference with classifier-
free guidance (CFG) [19] using a guidance scale of 4.0; in
the unconditional branch, both textual and audio features
are set to zero. Face masks are extracted with InsightFace
and uniformly dilated to provide a slightly enlarged region
for generation.

B. Extended Experiments
B.1. More analysis about Interactivity Metric
Good Case. Fig. 11 visualises four representative listener
behaviours that strongly signal conversational engagement:
eyebrow raise, head nod, head turn, and gaze shift. The
presence of such cues contributes substantially to the fi-
nal Interactivity score. Because Interactivity is computed
over the entire video, we do not report frame-level values
in Fig. 11. As illustrated in Fig. 14, AnyTalker produces se-
quences rich in these interactive actions, and thus achieves
a comparatively high Interactivity rating.
The Rubustness of Interactive Metric. Some genera-
tive baselines occasionally produce highly implausible mo-
tions. For example, Bind-Your-Avatar [23] generates an
exaggerated “lying-down” action shown in Fig. 12. With-
out counter-measures, such artifacts would dramatically in-
flate the Motion score even though they are unrelated to
interactivity. We therefore introduce a lightweight anomaly-
suppression rule: if the mean facial-landmark displacement

https://huggingface.co/alibaba-pai/Wan2.1-Fun-1.3B-InP
https://huggingface.co/alibaba-pai/Wan2.1-Fun-1.3B-InP


Figure 12. A bad case generated by Bind-Your-Avatar [23].

Monica Escobar and I represent El Paso, Texas… the humanity and just even though in the world…

EchoMimic

StableAvatar

Sonic

MultiTalk

OmniHuman-1.5

AnyTalker
(orus)

Figure 13. Qualitative results on HDTF [80] (left) and VFHQ [65] (right) benchmark. The positions of pronunciation have been highlighted
in red and underlined.

between two consecutive frames exceeds 10 pixels (all faces
are pre-aligned to a 256 × 256 canvas), the landmark posi-
tions are frozen until a subsequent displacement below 10
pixels is observed. As demonstrated in the right two frames
of Fig. 12, this simple clamping prevents the vast major-
ity of abnormal movements from entering the Interactivity
computation.

B.2. Additional Experimental Results
Quantitative Results on the EMTD Benchmark.
EMTD [41] is a half-body dataset that includes hands,
as illustrated in Fig. 8. We compare AnyTalker against

three methods capable of generating half-body sequences:
EchoMimic v2 [41], FantasyTalking [61], and Mul-
tiTalk [31]. The evaluation protocol strictly follows
the metrics described in Sec. 5.1 for the single-person
benchmark. AnyTalker-14B achieves the best scores on
three metrics and is only marginally behind MultiTalk on
identity preservation (ID). These results demonstrate that
AnyTalker is a comprehensive framework that handles not
only tight-face inputs but also half-body scenarios.
Qualitative Result on Single-Person Benchmarks. As
illustrated in Fig. 13, we present qualitative comparisons
of EchoMimic [8], StableAvatar [56], Sonic [24], Mul-



Figure 14. More Results generated by AnyTalker.



Figure 15. Improvement in interaction among each identity after fine-tuning on authentic multi-person data (right).

tiTalk [31], OmniHuman-1.5 [26], and AnyTalker-14B on
the HDTF [80] and VFHQ [65] benchmarks. AnyTalker
consistently produces clear dentition and accurate lip move-
ment.
More Multi-Person Results. Fig. 14 showcases additional
multi-person animations generated by AnyTalker. The
model gracefully handles a broad spectrum of inputs: real
photographs, AIGC images, and cartoons. It produces natu-
ral, context-appropriate interactions regardless of the num-
ber of identities involved. Further compelling examples are
available in the videos on the project homepage.

B.3. Effectiveness of Interactivity Refinement

As shown in Fig. 15, refining interactivity with authen-
tic multi-person data lets identities exchange significantly
more natural eye contact. A model trained solely on single-
person data can activate each face correctly, yet every iden-

tity remains blank whenever it is not speaking, an effect that
looks highly unnatural in conversational scenes.

B.4. Future Work
At present, AnyTalker supports only rudimentary camera
motions driven by textual prompts. Drawing inspiration
from recent controllable video-generation approaches [37,
71, 72], we can incorporate additional conditional signals,
such as camera trajectory [3]. By grafting lightweight,
training-efficient modules [21, 29, 38, 49] into recent
camera-trajectory-control techniques [2, 77], we expect to
enrich the visual storytelling of the generated videos, auto-
matically framing and tracking the active speaker without
manual intervention.
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